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METHOD AND SYSTEM FOR Fourier transform ( FFT ) using a fast Fourier transform ; 
MULTI - CARRIER TIME DIVISION transforming a time domain symbol into a frequency domain 

MULTIPLEXING symbol signal to perform a modified discrete Fourier trans 
MODULATION / DEMODULATION form ( MDFT ) treatment . 

According to another embodiment of the present disclo 
CROSS - REFERENCE TO RELATED sure , the MDFT treatment in the multi - carrier time - division 

APPLICATIONS multiplexing modulation method may further include a 
sub - band analyzing and filtering treatment , an inverse Fou 

This present application is a U.S. national stage under 35 rier transform treatment , and an interleaving operation treat 
U.S.C. $ 371 of International Application No. PCT / CN2015 / ment . 
075557 , filed on Mar. 31 , 2015 , the contents of which are According to another embodiment of the present disclo 
incorporated herein by reference in its entirety . sure , the fast Fourier transform in the multi - carrier time 

division multiplexing modulation method may be further an TECHNICAL FIELD NM - point fast Fourier transform , N and M herein being 
positive integers that are larger than or equal to 1 . The present disclosure relates to multi - carrier modulation 

and demodulation technologies , and particularly to a multi According to another embodiment of the present disclo 
sure , the sub - band analyzing and filtering treatment included carrier time - division multiplexing ( MC - TDMA ) modula in the MDFT treatment in the multi - carrier time - division tion / demodulation method and system . 20 multiplexing modulation method may further include per 

BACKGROUND forming pre - filtering on an NM point frequency domain 
symbol signal , constructing a coefficient matrix H based on 

The mobile communication technology has undergone a prototype filter function , and right - multiplying the NM 
development of four generations . The first - generation wire point frequency domain symbol signal by the coefficient 
less communication belongs to analog communication , and 25 matrix H to generate a 2NM point frequency domain symbol signal . only voice signals can be transmitted . From the second 
generation wireless network , a mobile communication net According to another embodiment of the present disclo 
work comes into a digital network era , and voice and data sure , the coefficient matrix used in the multi - carrier time 
can be transmitted simultaneously . With the development of division multiplexing modulation method may be further 
a modulation technology , a data transfer rate is increased 30 generated based on performing an M / 2 circular right - shift on 

a matrix with 4NX2N matrix element blocks . from 14.4 Kbps to 1 Gbps from the second - generation to 
fourth - generation mobile communication ( Long Term Evo According to another embodiment of the present disclo 
lution ( LTE ) ) . The second - generation wireless communica sure , the coefficient matrix used in the multi - carrier time 
tion adopts the Gaussian minimum shift keying ( GMSK ) division multiplexing modulation method may further 
modulation technology , the third - generation mobile commu- 35 include the following sub - matrices hi , O and hi , 1 : dividing a 
nication adopts quadrature phase shift keying ( QPSK ) , and coefficient h ( n ) ( 0 < = n < = NM - 1 ) of a root raised cosine 
both of the modulation technologies belong to the single ( RRC ) prototype function into N sub - blocks ( each of the N 
carrier modulation . sub - blocks includes M points ) , and constructing the diago 

In order to increase the data transfer rate , the fourth nal matrix hi , 0 and the diagonal matrix hi , 1 based on the first 
generation mobile communication network typified by the 40 M / 2 points and the last M / 2 points of the ith sub - block of the 
LTE standard adopts a multi - carrier modulation technology . N sub - blocks respectively , i herein is an integer between 0 

and N - 1 . In the LTE standard , the single - carrier frequency - division 
multiple access ( SC - FDMA ) technology may be adopted in According to another embodiment of the present disclo 
the uplink , and the orthogonal frequency - division multiple sure , an arrangement of the sub - matrix hi , and the sub 
access ( OFDMA ) technology may be adopted in the down- 45 matrix hi , 1 included in the coefficient matrix H used in the 
link . In the multi - carrier modulation , a high - speed signal multi - carrier time - division multiplexing modulation method 
may be divided into a plurality of low - speed signals through may be as follows : 
an IFFT , the low - speed signals may be modulated into 
different sub - carriers , and a signal having a long symbol NN - 1,0 period may be synthesized for transmission . Therefore , the 50 
multi - carrier modulation technology may have a capability 
of anti - multipath fading in a wireless channel . hoo PN - 1,0 

A major impetus for the development of future mobile HN - 2,1 
communication may be Internet of Things ( IoT ) and 
machine - to - machine ( M2M ) communication , and character- 55 
istics of the IoT and M2M communication may be random , h1,1 h2,1 asynchrony , short data , low latency , low power consumption 
and low cost . Therefore , there may be a need to study a new 
modulation technology to meet the requirements of the According to another embodiment of the present disclo 
development of the future wireless communication , and 60 sure , the inverse Fourier transform included in the MDFT 
thereby the present disclosure is provided . treatment in the multi - carrier time - division multiplexing 

modulation method may be further an M - point inverse 
SUMMARY Fourier transform repeated 2N times . 

The present disclosure also provides a multi - carrier time 
A multi - carrier time - division multiplexing modulation 65 division multiplexing demodulation method , and the method 

method , wherein the characteristics may lie in performing an may include : removing prefixes of a received signal , equal 
interleaving allocation on an input symbol ; performing a fast izing the received signal without the prefixes by an equal 

10,0 0 h1,0 0 h2,0 0 0 

0 ho , 1 0 0 0 PN - 1,1 hi.1 
h1,0 

N - 2,1 
PN - 2,0 0 0 0 0 

H = HN - 1,1 0 ho.1 0 h1,1 ... 0 0 

.. ... ... ... ... ... 

h1,0 0 h2,0 0 13,0 0 ho , o 0 

0 0 0 PN - 1,1 0 ho , 1 
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izer , performing an inverse modified discrete Fourier trans According to another embodiment of the present disclo 
form ( IMDFT ) treatment to synthesize a full - band frequency sure , the inverse fast Fourier transform implemented by the 
domain signal , performing an inverse fast Fourier transform unit configured to implement the inverse fast Fourier trans 
( IFFT ) on the synthesized frequency domain signal to gen form included in the multi - carrier time - division multiplex 
erate a time domain signal , performing symbol inverse 5 ing demodulation system may be further an NM - point 
ordering on the generated time domain signal , and obtaining inverse fast Fourier transform , N and M being positive 
a reconstructed input symbol signal of a sending end through integers that are larger than or equal to 1 . 
a symbol inverse mapping treatment . According to another embodiment of the present disclo 
According to another embodiment of the present disclo sure , the sub - band synthesizing and filtering module 

sure , the IMDFT treatment in the multi - carrier time - division 10 included in the IMDFT unit in the multi - carrier time 
multiplexing demodulation method may further include an division multiplexing demodulation system may be further 
inverse interleaving operation treatment , a Fourier transform used to perform post - filtering on a 2NM point frequency 
treatment , and a sub - band synthesizing and filtering treat domain symbol signal , and right - multiply the 2NM point 
ment . frequency domain symbol signal by a transpose matrix of a 

According to another embodiment of the present disclo- 15 coefficient matrix H to generate an NM point frequency sure , the inverse Fourier transform in the multi - carrier domain symbol signal . 
time - division multiplexing demodulation method may be 
further an NM - point inverse fast Fourier transform . BRIEF DESCRIPTION OF THE DRAWINGS 

According to another embodiment of the present disclo 
sure , the Fourier transform included in the IMDFT treatment 20 FIG . 1 is a structural block diagram illustrating a principle 
in the multi - carrier time - division multiplexing demodulation of a MC - TDMA modulation system ; 
method may be further an M - point Fourier transform FIG . 2 is a block diagram illustrating a separation imple 
repeated 2N times . mentation of a frequency domain MDFT filter bank in 

According to another embodiment of the present disclo MC - TDMA ; 
sure , the sub - band synthesizing and filtering treatment 25 FIG . 3 is a schematic diagram of a PAPR simulation 
included in the IMDFT treatment in the multi - carrier time result ; 
division multiplexing demodulation method may further FIG . 4 illustrates a simulation result of a symbol error rate 
include performing post - filtering on a 2NM point frequency of a MC - TDMA system ; and 
domain symbol signal , and right - multiplying the 2NM point FIG . 5 illustrates a simulation result of an anti - carrier drift 
frequency domain symbol signal by a transpose matrix of a 30 of a MC - TDMA system . 
coefficient matrix H to generate an NM point frequency 
domain symbol signal . DETAILED DESCRIPTION OF EMBODIMENTS 

A multi - carrier time - division multiplexing modulation 
system may include : a symbol mapping unit , a symbol As used in the disclosure and the appended claims , the 
ordering unit , a unit configured to implement a fast Fourier 35 singular forms “ a , ” “ an , ” and “ the ” include plural referents 
transform , and an MDFT unit ; the said MDFT unit may unless the content clearly dictates otherwise . In general , the 
include a sub - band analyzing and filtering module , an terms “ comprises , ” “ comprising , " " includes , " and / or 
inverse Fourier transform module , and an interleaving " including ” when used in the disclosure , specify the pres 
operation module . ence of stated steps and elements , but do not preclude the 

According to another embodiment of the present disclo- 40 presence or addition of one or more other steps or elements . 
sure , the Fourier transform implemented by the unit config A multi - carrier modulation technology may be widely 
ured to implement the fast Fourier transform included in the used in the fourth - generation mobile communication net 
multi - carrier time - division multiplexing modulation system work typified by the LTE standard , and particularly , the 
may be further an NM - point fast Fourier transform , N and orthogonal frequency division multiple access ( OFDMA ) 
M being positive integers that are larger than or equal to 1. 45 technology may be adopted in the downlink . In the multi 

According to another embodiment of the present disclo carrier modulation , a high - speed signal may be divided into 
sure , the sub - band analyzing and filtering module included a plurality of low - speed signals through an inverse fast 
in the MDFT unit in the multi - carrier time - division multi Fourier transform ( IFFT ) , the low - speed signals may be 
plexing modulation system may be further used to perform modulated into different sub - carriers , and a signal having a 
pre - filtering on an NM point frequency domain symbol 50 long symbol period may be synthesized for transmission . 
signal , construct a coefficient matrix H based on a prototype Therefore , the multi - carrier modulation technology has a 
filter function , and right - multiply the NM point frequency natural capability of anti - multipath fading in a wireless 
domain symbol signal by the coefficient matrix H to generate channel . Since the symbol period is expanded , the capacity 
a 2NM point frequency domain symbol signal . of a signal to resist the multipath fading may be improved 

According to another embodiment of the present disclo- 55 greatly , and thus the multi - carrier modulation technology 
sure , the inverse Fourier transform implemented by the may be an indispensable portion of high - speed wireless 
inverse Fourier transform module included in the MDFT communication . 
unit in the multi - carrier time - division multiplexing modu OFDMA and SC - FDMA may be sensitive to a carrier 
lation system may be further an M - point inverse Fourier drift . In addition , a peak to average power ratio ( PAPR ) 
transform repeated 2N times . 60 value of OFDMA may be relatively large . In contrast , a 

A multi - carrier time - division multiplexing demodulation PAPR value of SC - FDMA may be relatively small . The LTE 
system may include an IMDFT unit , a unit configured to standard may be adopted in the present fourth - generation 
implement an inverse fast Fourier transform , a symbol mobile communication network , for example , SC - FDMA is 
inverse ordering unit , a symbol inverse mapping unit ; the adopted in uplink communication . Since there is a need to 
said IMDFT unit may include an inverse interleaving opera- 65 remain multi - carrier characteristics of a SC - FDMA modu 
tion module , a Fourier transform module , and a sub - band lation signal , localized SC - FDMA ( SC - LFDMA ) may be 
synthesizing and filtering module . adopted in the LTE standard . Although a PAPR value of 
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SC - LFDMA is less than that of OFDMA , the PAPR value of disclosure can be used not only for high - speed communi 
SC - LFDMA may be still very different from a theoretical cation but also for IoT and M2M communication . 
minimum value of PAPR , for example , it is possible to A specific embodiment of the present disclosure may be 
improve the PAPR of SC - LFDMA . Sub - carrier frequencies a multi - carrier time - division multiplexing modulation and 
of a sending end and a receiving end may need to maintain 5 demodulation method , wherein before multi - carrier modu 
strict synchronization in OFDMA and SC - FDMA , and thus lation is performed on an input symbol , an interleaving 
there are extremely high requirements for crystal oscillator allocation and an FFT may be performed on the input 
accuracies of the receiving end and the sending end . symbol , a time domain symbol may be transformed into a 

The reason for the large PAPR value of the present frequency domain symbol signal , and an MDFT treatment 
may multi - carrier modulation system may be that an inverse fast be performed on the frequency domain symbol signal . 
It should be noted that the description herein is merely a Fourier transform ( IFFT ) is used . Since a basis function of 

an IFFT is a complex exponential function , an amplitude major process of a specific embodiment and should not be 
regarded as a unique embodiment , the various steps therein value of the complex exponential function may be increased may be not necessary , and the whole process and specific by multiplying and superimposing random symbols . Espe- 15 steps thereof are not limited to the description of the cially , when phases of the complex exponential are consis drawings and the above description . For example , before an tent after multiplying , the amplitude value may be maximum interleaving allocation is performed on an input symbol , 

while the PAPR value is also maximum . There are many some corresponding preprocessing steps may be carried out , 
methods for reducing the PAPR value in the OFDMA and the order of an FFT and an MDFT treatment may be 
system . However , these methods may only solve the prob- 20 adjusted appropriately . It will be apparent to those skilled in 
lem of the high PAPR value , and cannot completely address the art that after understanding the contents and principles of 
the effect of sub - carrier drift of the OFDMA system on the the present disclosure , various modifications and variations 
system performance . can be made in the form and details of the system without 
An alternative method for improving the anti - carrier drift departing from the principles and constructions of the pres 

capability of the multi - carrier modulation system is to 25 ent disclosure . However , these modifications and variations 
replace the IFFT in the OFDMA system with a filter bank . are still within the scope of the claims of the present 
A frequency characteristic of a filter bank prototype function disclosure . 
may be better than that of a rectangular window function in In the portion of the MDFT treatment , the difference 
the IFFT , and therefore inter - subcarrier interference ( ICI ) between the present disclosure and the conventional FBMC 
can be well cancelled . In addition , the good frequency 30 ( OFDM / OQAM ) modulation scheme and the classical 
characteristic of the prototype function may also increase the MDFT treatment structure may be that a sending end adopts 
power spectral density of the system , reduce power leak a synthesizing filter bank structure in the traditional FMBC , 
between sub - b ds , and improve the validity of signal but in the present disclosure , a sending end adopts an 
transmission . However , a filter bank multi - carrier ( FBMC ) analyzing filter bank structure , and an IFFT is performed 
modulation system may have two features of high PAPR 35 instead of the conventional FFT after pre - filtering is per 
value and long delay since the good frequency characteristic formed on a signal . A pre - filter may be positioned between 
requires a large prototype filter function coefficient . These an NM - point FFT and an M - point IFFT , and in MC - TDMA , 
features may restrict the application of the FBMC modula play a dual role of reducing the PAPR value of the system 
tion system in practice . using the symmetry of a filter coefficient and allocating a 

An analysis may show that there are two basic methods to 40 frequency domain symbol signal to different sub - bands for 
reduce the PAPR value , one is to reduce peak power of a multi - carrier modulation . The description herein is merely a 
modulation symbol , and the other is to shorten the length of major process of a specific embodiment and should not be 
the IFFT . Shortening the length of the IFFT while reducing regarded as a unique embodiment , the various steps therein 
frequency resolution of the modulation system may improve may be not necessary , and the whole process and specific 
the anti - carrier drift capability of the system . Since the 45 steps thereof are not limited to the description of the 
theoretical minimum PAPR value is a PAPR of an original drawings and the above description . 
input symbol signal , the PAPR value is lower when an A further specific embodiment of the present disclosure 
output symbol is modulated as close as possible to the may provide a multi - carrier time division multiplexing sys 
original input symbol . In the single carrier modulation , an tem , and the system may include a sending end and a 
FFT carrier mapping may be firstly performed on an input 50 receiving end . The sending end may include : a symbol 
symbol , and then IFFT modulation may be performed . mapping unit for performing a symbol mapping on a binary 
Based on the mode of a carrier mapping , a modulation bit sequence to obtain a complex symbol signal ; a symbol 
symbol after FFT / IFFT may be the weighted sum ( localized ordering unit for performing an interleaving allocation on an 
mapping ) of the input symbol or repeat ( interleaving map input symbol ; a fast Fourier transform ( FFT ) unit for trans 
ping ) of the input symbol . The PAPR value may directly 55 forming a time domain symbol signal into a frequency 
influence the battery lifetime of a mobile terminal , and domain symbol signal ; and an MDFT unit , which adopts an 
therefore , the lower PAPR value may be better for uplink analyzing filter bank structure , for performing an IFFT after 
communication . performing pre - filtering on the frequency domain symbol 
At present , all modulation methods and systems ( includ signal as a pre - filter . The receiving end may include : a prefix 

ing systems which have been used in the standard ) cannot 60 removal unit and an equalizer for respectively performing 
solve the problems of the high PAPR in OFDMA and high prefix removal and an equalization treatment on a received 
carrier drift sensitivity at the same time . The present disclo signal to obtain a symbol signal ; an IMDFT unit for per 
sure may combine the advantages of SC - FDMA and FBMC forming an inverse interleaving operation and performing an 
modulation technologies , and in a modulation system , suc inverse MDFT on the signal obtained by the inverse inter 
cessfully solve the above two problems which have plagued 65 leaving operation ; and an IFFT unit for performing an 
the wireless communication physics layer for many years . inverse fast Fourier transform ( IFFT ) on the obtained sym 
The MC - TDMA modulation system provided by the present bol signal to obtain a reconstructed signal of a sending end . 
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The description herein is merely a major process of a Further , an equalizer of the receiving end may perform 
specific embodiment and should not be regarded as a unique prefix removal on a symbol signal and then perform an FFT 
embodiment , the various steps therein may be not necessary , to obtain a frequency domain signal , divide the frequency 
and the whole process and specific steps thereof are not domain signal by a system function of a channel , and obtain 
limited to the description of the drawings and the above 5 a signal with channel interference removed after an IFFT . An 
description . For example , depending on the communication IMDFT unit of the receiving end may be used to reproduce 
quality of a wireless channel , the equalizer herein may adopt the NM point symbol signal with the channel interfere 
a frequency domain zero forcing equalizer or a non - zero removed to a 2NM point symbol signal , perform an M - point 
forcing equalizer , adopt a blind equalizer or a non - blind FFT repeated 2N times on the 2NM point symbol signal to 
equalizer , or adopt an adaptive equalizer or a non - adaptive 10 obtain a 2NM point frequency domain signal , and right 
equalizer . Similarly , it will be apparent to those skilled in the multiply the 2NM point frequency domain signal by a 
art that after understanding the contents and principles of the transposed matrix H of the coefficient matrix H to obtain an 
present disclosure , various modifications and variations can NM point signal . 
be made in the form and details of the system without The MC - TDMA system provided by the present disclo 
departing from the principles and constructions of the pres- 15 sure may be implemented by a simple structure , the sending 
ent disclosure . However , these modifications and variations end may be implemented by an input symbol interleaving 
are still within the scope of the claims of the present allocation and an MDFT filter bank , and the receiving end 
disclosure . may adopt an IMDFT synthesizing filter bank structure and 

Further , a pre - filter of a sending end may be positioned an FFT unit . The interleaving operation may cancel inter 
between an NM point FFT and an Mpoint IFFT , a coefficient 20 ference between adjacent sub - bands , and a 2NM point 
of the filter may have the symmetry , and a frequency domain symbol signal is transformed to an NM point symbol signal 
symbol signal may be allocated to different sub - bands for after the interleaving operation . The number of sub - carriers 
multi - carrier modulation . may be M , N multi - carrier modulation symbols may be 

In a system , in which the number of access users is N , the respectively transmitted in N time periods , and the optimal 
number of sub - carriers of each user is M , and thus the total 25 time frequency resolution of the system may be obtained by 
number of sub - carriers L is equal to NM . The symbol adjusting N and M , so that the system has a capability of 
mapping unit may perform a symbol mapping to obtain M anti - multipath fading in a wireless channel and an anti 
time domain input symbol signals , the symbol ordering unit carrier drift capability , and the MC - TDMA system focus 
may allocate the M time domain input symbol signals to NM advantages of all other modulation systems . The sending end 
time points using an interleaving allocation mode , and the 30 may adopt an analyzing filter bank structure . The receiving 
FFT unit may perform an FFT operation on an NM point end may adopt a synthesizing filter bank structure and 
time domain symbol signal to obtain an NM point frequency recover an NM point input signal of the sending end one 
domain symbol signal . time , so that the system has the advantages of short time 

Further , the MDFT unit may include : a sub - band analyz delay , saving the resource occupied by the prefix , using the 
ing and filtering portion , which is used to perform an FFT on 35 frequency domain zero forcing equalizer and easy imple 
an NM point input symbol signal of a sending end to obtain mentation . 
an NM point frequency domain symbol signal , construct a The implementation of the present disclosure will be 
coefficient matrix H based on a prototype filter function , and described in further detail with reference to the drawings and 
right - multiply the NM point frequency domain symbol specific examples . Obviously , drawings described below are 
signal by the coefficient matrix H to obtain a 2NM point 40 only some embodiments of the present disclosure . Those 
frequency domain symbol signal ; an IFFT transform por having ordinary skills in the art , without further creative 
tion , which is used to perform an M - point IFFT repeated 2N efforts , may apply the present disclosure to other similar 
times on the 2NM point frequency domain symbol signal to scenarios according to these drawings . Unless stated other 
obtain a 2NM point time domain signal ; and an interleaving wise or obvious from the context , the same reference 
operation portion , which is used to perform an interleaving 45 numeral in the drawings refers to the same structure and 
operation on the 2NM point time domain signal to obtain an operation . 
NM point output complex symbol signal . The interleaving FIG . 1 a structural block diagram illustrating a principle 
operation portion may divide the 2NM point time domain of a MC - TDMA modulation system . The MC - TDMA modu 
complex signal into an upper path and a lower path . Signals lation system may include a sending end and a receiving 
in the upper path may be not delayed , and there may be one 50 end . The sending end may include a symbol mapping unit , 
bit delay in signals in the lower path . After two times a symbol ordering unit , an NM - point FFT unit , a sub - band 
sampling is performed on the signals in the upper and lower analyzing and filtering unit , an M - point IFFT repeated 2N 
paths , a real part and an imaginary part may be extracted times unit and an interleaving operation unit . The receiving 
alternately to synthesize a complex symbol signal , which end may include an inverse interleaving operation unit , an 
makes the 2NM point complex signal become an NM point 55 M - point FFT repeated 2N times unit , a sub - band synthesiz 
complex signal . The coefficient matrix H may be obtained ing filter , an NM - point IFFT unit , a symbol inverse ordering 
by performing an M / 2 circular right - shift on a coefficient of unit and a symbol inverse mapping unit . 
an MDFT analyzing filter bank . The coefficient of the MDFT An input binary bit sequence s ( n ) may be subjected to a 
analyzing filter bank may be constituted by a square root symbol mapping by the symbol mapping unit , a QPSK or 
raised cosine ( RRC ) function , and the dimension of the 60 QAM method may be used in the symbol mapping , and a 
matrix H may be 2NMxNM . The said constructing the complex symbol signal to be modulated may be obtained 
coefficient matrix H may specifically include : obtaining a after the symbol mapping . The complex symbol signal may 
matrix H of 2NMxNM by performing an M / 2 circular be subjected to a symbol ordering treatment by the symbol 
right - shift on a matrix with MxNM matrix element blocks , ordering unit , which adopts an interleaving ordering mode , 
and shifting M / 2 points shifted from the right to M / 2 points 65 for example , a symbol signal is inserted every N points , a 
at the left . The shift may begin from the first MxNM matrix value between two non - zero symbol signals is zero for a 
block to the ( 2N - 1 ) th matrix block . single user ( uplink transmission ) , and a value between two 
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non - zero symbol signals is a signal of other users . After of the sending end may be composed of a decimator with a 
treatment of the ordering unit , an NM point symbol signal decimation value of two , real part and imaginary part 
may be obtained . The obtained ordering symbol signal may operation units of a complex number . A signal may be 
be processed by the NM - point FFT unit , after the sub - band divided into an upper path and a lower path after entering the 
analyzing and filtering unit performs analyzing and filtering 5 interleaving operation portion , there may be no delay in the 
on the signal , the signal may be transmitted to the M - point upper path and there may be one bit delay in the lower path . 
IFFT repeated 2N times unit for transform to obtain a signal After two times sampling is performed on the signals in the 
after modulation , and the obtained signal may be transmitted upper and lower paths , the real part and imaginary part may 
to a channel after an interleaving operation and prefixing and be extracted alternately , and extracted real part and imagi 
then sent to the receiving end . The receiving end may 10 nary part values may synthesize a new complex symbol 
remove prefixes of the received signal , and the equalizer signal value for transmission . Real part and imaginary part 
may perform equalization processing on the signal without operations of adjacent two channels may need interleaving , 
the prefixes . After the signal is transmitted to the inverse and if the real part operation is performed on an upper path 
interleaving operation unit for processing , the M - point FFT of a previous channel , the imaginary part operation may 
unit may perform an M - point FFT repeated 2N times on the 15 need to be performed on an upper path of a current channel . 
signal to obtain a frequency domain sub - band signal . Then , In FIG . 2 , z - 1 may represent one bit delay , M / 2 may 
a full - band signal may be synthesized through sub - band represent M / 2 sampling , 1 M / 2 may represent M / 2 interpo 
synthesizing and filtering , the synthesized frequency domain lation , h ( n ) may represent a RRC prototype filter function , 
signal may be transmitted to the NM - point IFFT unit to Re { } and IM { } may respectively represent the real part 
obtain a time domain signal . The signal output by the IFFT 20 operation and the imaginary part operation , x ( n ) and â ( n ) 
unit may be subjected to a symbol inverse ordering , and a may respectively represent an input signal of the sending 
reconstructed input symbol signal of the sending end may be end and a reconstructed signal of the receiving end . 
obtained after processing of the symbol inverse mapping Since the two times sampling and the interleaving opera 
unit . tion , a 2NM point input may become an NM point output , 

Specifically , for a multi - user access modulation system , it 25 thereby guaranteeing the conformity of the number of input 
may be assumed that the total number of sub - carriers L is symbols and the number of output in the MC - TDMA 
equal to NM , and the number of sub - carriers allocated to system . After the above processing , a cyclic prefix may be 
each user is M. M symbol signals may be obtained by added on the synthesized complex symbol signal , and then 
mapping the sub - carrier signal via the symbol mapping unit , the signal may enter a wireless channel to be sent . 
and allocated to L time points via the interleaving operation 30 The optimal MDFT filter bank may be obtained in the 
unit adopting an interleaving symbol allocation mode . An L following manner . The pre - filtering portion may construct a 
point FFT may be performed on a complex symbol signal , coefficient matrix H based on a prototype filter function , and 
and a time domain symbol signal may be transformed right - multiply an NM point frequency domain symbol signal 
frequency domain to obtain a frequency domain signal . by the coefficient matrix H to obtain a 2NM point frequency 
As shown in FIG . 2 , an MDFT filter bank may be at the 35 domain symbol signal . The IFFT portion may perform an 

front of an FFT unit and composed of three portions . The M - point IFFT repeated 2N times on a 2NM point frequency 
first portion may be a pre - filtering unit , the second portion domain symbol signal to obtain a 2NM point time domain 
may be an IFFT unit , and the third portion may be a signal signal . The interleaving operation portion may perform an 
interleaving operation unit . interleaving operation on the 2NM point time domain signal 

The MDFT filter bank may include : a sub - band analyzing 40 to obtain an NM point complex symbol signal output . 
and filtering portion , an IFFT portion , a signal interleaving Specifically , the method for constructing the coefficient 
operation portion . After the sub - band analyzing and filtering matrix H based on the prototype filter function may 
portion and the IFFT portion respectively completing pre follows . If the prototype filter is a square root raised cosine 
filtering and an IFFT , the signal interleaving operation ( RRC ) function , the coefficient h ( n ) of the prototype filter 
portion may perform an interleaving operation on a 2NM 45 function may be expressed as : 
point symbol signal and obtain an NM point complex 
symbol to output for transmission . 

The pre - filtering unit may be composed of an analyzing [ ] ( 1 + r ) n 77 ( 1 – r ) n 
filter bank with a decimation ratio of M / 2 ( the number of hin ) channels of the filter bank is M ) , and perform a sub - band 50 
analyzing treatment on an input signal x ( n ) to obtain M 
sub - band signals . A filter bank with a coefficient h ( n ) of a 
prototype function may be selected , and z- in FIG . 2 may h ( 0 ) 
represent one bit delay . The NM point input symbol signal 
x ( n ) of each frame may enter the pre - filter along a delay line , 55 hi + : ( 1 + r ) ] – cos [ ( 1 –r ] } subjected to M / 2 sampling , obtain NM path output , and 
obtain M path output after superimposing the NM path 
output . Wherein N is determined by the number of users of wherein M is equal to the number of sub - carriers , r repre 
the modulation system , and M is determined by the number sents a roll - off factor of the RRC function and determines a 
of sub - carriers . After inverse fast Fourier transform ( IFFT ) 60 stop band attenuation factor of a RRC function filter , and a 
is performed on the M path output , an M path modulation range of a variant n of the RRC function is determined by the 
signal may be obtained . An interleaving operation may be length NM of the pre - filter . The construction of the coeffi 
performed on the modulation signal before being sent , cient matrix H is not limited to the above method and the 
thereby canceling interference between sub - bands . The specific set parameters . 
interleaving operation may include the interleaving opera- 65 For constructing the coefficient matrix H , it may be 
tion of the sending end and the inverse interleaving opera assumed that the number of access users is N , the number of 
tion of the receiving end . The interleaving operation portion sub - carriers allocated to each user is M , and the matrix H 

be as 
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may be obtained by performing an M / 2 circular right - shift 
on a matrix with 4Nx2N matrix element blocks , wherein the 
matrix element blocks hi , 0 and hi , 1 ( 0 < = i < = N - 1 ) may be 
two diagonal matrixes . If the coefficient h ( n ) of the RRC 5 
prototype function is divided into N sub - blocks ( each sub 
block includes M points ) , hi , 0 and hi , 1 may be respectively 
composed of the first M / 2 points and the last M / 2 points of 
the ith sub - block . The size of H may be 2NMxNM . In the 
process of circular shift , the M / 2 points shifted from the 
right may be shifted to the left M / 2 points . The shift may 
begin from the first MxNM matrix block to the ( 2N - 1 ) th 
matrix block . 

h ( 4 ) 
h ( 5 ) 

ho , 1 h ( 6 ) 
10 

h ( 7 ) 

h ( 8 ) 
h ( 9 ) 

h1,0 = 

h ( 10 ) 15 
h ( 11 ) 

h ( 12 ) 
h ( 13 ) 

ho , o 0 h1,0 0 h2,0 0 PN - 1,0 0 11,1 
20 h ( 14 ) 

0 h0,1 0 0 h1,1 
h1,0 

N - 2,1 
PN - 2,0 

N - 1,1 
N - 1,0 

h ( 15 ) 
0 hoo 0 0 0 

H = hN - 1,1 0 ho , 1 0 h1,1 0 HN - 2,1 0 

... ... : ... ... ... ... ... Finally , the obtained matrix H may be equal to 
h1,0 0 h2,0 0 h3,0 0 ho , 0 0 25 

0 hi , 1 0 h2,1 PN - 1,1 0 ho , 1 
20,0 0 h1,0 0 

0 ho , 1 
H = h1,1 

11,0 h ( im ) 0 0 hooo 0 
0 hiM +1 ) 0 30 h1,1 0 ho , 1 0 

hi , o 

0 

0 0 
35 0 0 

= 

... : 
0 0 

10,0 0 h1,0 0 

0 0 
H = 

h1,1 
11,0 0 h0,0 0 

0 ho , 1 0 

h ( iM + M / 2-1 ) ] A 2NM point symbol signal may be obtained by right 
multiplying an NM point frequency domain signal X ( k ) by hiM + M / 2 ) the coefficient matrix H , an M - point inverse fast Fourier h ( iM + M / 2 + 1 ) 

hi , 1 transform ( IFFT ) repeated two times operation may be 
performed on the 2NM point symbol signal , and a 2NM 

h ( iM + M -1 ) . point time domain signal may be obtained . 
The receiving end may perform an inverse operation of 

40 the sending end . The receiving end may perform prefix 
ho , 1 removal processing on a received signal , and then an equal 

izer may perform an equalization operation to remove 
h1,1 channel interference . After the signal is transmitted to an 

inverse interleaving operation unit for processing , an 
45 M - point FFT unit may perform an M - point FFT repeated 2N 

The construction of the matrix H and hi , 0 and hi , 1 may be times on the signal to obtain a frequency domain sub - band 
described in a specific example below . It may be assumed signal . Then , a full - band signal may be synthesized via 
that the number of the users N is equal to 2 , the number of sub - band synthesizing and filtering , and transmitted to an 
the sub - carriers M is equal to 8 and the roll - off factor r is NM - point IFFT unit to obtain a time domain signal . Symbol 
equal to 0.5 , and the coefficient h ( n ) of the prototype 50 inverse ordering may be performed on the signal output by the transform unit , and then a reconstructed symbol signal of function may be obtained based on the RRC formula : the sending end may be obtained through processing of a 

symbol inverse mapping unit . 
The present disclosure may adopt a frequency domain 4 * 0.5 * n ( 1 + 0.5 ) n [ 77 ( 1 – 0.5 ) n 

+ sin 55 zero forcing equalizer . The frequency domain zero forcing 
h ( n ) = 

4 * 0.5 * n equalizer may perform an FFT to transform the signal after 
prefix removal to frequency domain , and divide the signal by 
a system function H ( k ) ( Fourier transform of channel 

-4 < n < 4 , n 0 , -4 impulse response h ( n ) ) , and finally perform an inverse fast 
0.5 / 4 60 Fourier transform ( IFFT ) to obtain the signal with the h ( 0 ) channel interference removed . 

MC - TDMA may be a multi - carrier modulation system 
h ( -4 ) o le cos ( 1 +0.5 ) ) - cos ( 4x0.5 ( 1 – 0.5 ) ) } based on a filter bank , and use a modified DFT ( MDFT ) filter 

bank . MC - TDMA may be obtained by introducing advan 
65 tages of the single carrier modulation system based on the 

The matrix element blocks h0,0 , h0,1 , h1,0 , h1,1 may be conventional filter bank multi - carrier ( FBMC ) modulation 
respectively : system . The MC - TDMA system may have double advan 
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tages of the multi - carrier and single carrier systems , and 2. The modulation method according to claim 1 , wherein 
have the extremely low power peak to average power ratio the characteristics lie in that the said fast Fourier transform 
( PAPR ) and the strong anti - multipath fading capability in a comprises : the Fourier transform implemented being an 
wireless channel and an anti - carrier asynchrony capability . NM - point fast Fourier transform , N and M being positive 
The PAPR value may approach a theoretical minimum 5 integers that are larger than or equal to 1 . 
value , and may be lower than the PAPR value of the single 3. The modulation method according to claim 1 , wherein carrier frequency division multiplexing access ( SC - FDMA ) the characteristics lie in that the said sub - band analyzing and system used in the LTE standard . The simulation may show filtering treatment further comprises : that the anti - carrier asynchrony capability of the MC - TDMA performing pre - filtering on an NM point frequency system is 10 - fold or more of OFDM . The MC - TDMA 10 domain symbol signal , modulation system may be used for both uplink communi 
cation and downlink communication . The MC - TDMA sys constructing a coefficient matrix H based on a prototype 

filter function , and tem may reduce power consumption of a terminal device 
and a base station device , and simultaneity reduce a preci right - multiplying the NM point frequency domain symbol 
sion requirement for the terminal device clock frequency . 15 signal by the coefficient matrix H to generate a 2NM 
The MC - TDMA system may have the features of the flexible point frequency domain symbol signal . 
design and easy implementation , and may be used for both 4. The modulation method according to claim 3 , wherein 

the characteristics lie in that the said coefficient matrix H is high - speed communication and Internet of things commu 
nication . generated based on performing an M / 2 circular right - shift on 

FIG . 3 , FIG . 4 and FIG . 5 respectively show simulation 20 a matrix with 4Nx2N matrix element blocks . 
results of performance comparison of the MC - TDMA modu 5. The modulation method according to claim 4 , wherein 

the characteristics lie in that the said coefficient matrix H lation system provided by the present disclosure . FIG . 3 
shows a simulation result of PAPR , in which s represents includes the following sub - matrices hi , 0 and hi , 1 : 
symbol shift , a solid line represents the OFDMA system , a dividing a coefficient h ( n ) ( 0 < = n < = NM - 1 ) of a root 
broken line represents the SC - FDMA system , and a dotted 25 raised cosine ( RRC ) prototype function into N sub 
line represents the MC - TDMA system . As best seen in FIG . blocks , each of the N sub - blocks including M points , 

and 3 , the PAPR value of the MC - TDMA system is the lowest , 
and has a very significant improvement compared to constructing the diagonal matrix hi , 0 and the diagonal 
OFDMA and SC - FDMA . FIG . 4 shows a comparison dia matrix hi , 1 based on the first M / 2 points and the last 
gram of a symbol error rate , and it can be seen from the 30 M / 2 points of the ith sub - block of the N sub - blocks 
figure that the error rate of MC - TDMA is lowest . FIG . 5 respectively , wherein i is an integer between 0 and N - 1 . 
shows a comparison diagram of the performance of the 6. The modulation method according to claim 5 , wherein 
anti - sub - carrier drift in the systems , and it can be seen from the characteristics lie in that an arrangement of the sub 
the figure that in the case of carrier drift is 10 % , MC - TDMA matrix hi , 0 and the sub - matrix hi , 1 included in the said 
still has excellent performance while OFDMA and SC- 35 coefficient matrix H is as follows : 
FDMA already cannot work . It can be clearly seen from the 
simulation results that the performance of the MC - TDMA 

11,0 h2,0 h - 1,0 system provided by the present disclosure is better than that 
of OFDMA and SC - FDMA . MC - TDMA can be used for h1,1 HN - 2,1 
both uplink communication and downlink communication , 40 
and for both high - speed communication and asynchronous H = hn - 1,1 ho , 
low - speed communication . 

The embodiments recited in the present disclosure are as 
described above , but are merely illustrative of the present h1,1 h2,1 10,1 disclosure for the purpose of understanding the present 45 
disclosure and are not intended to limit the present disclo 
sure . It may be apparent to those skilled in the art that 7. The modulation method according to claim 1 , wherein 
various changes and modifications may be made in the form the characteristics lie in that the said inverse Fourier trans 
and details of the disclosure in accordance with the present form treatment comprises : the inverse Fourier transform 
disclosure without departing from the spirit and essence of 50 implemented being an M - point inverse Fourier transform 
the present disclosure , but the scope of patent protection of repeated 2N times . 
the present disclosure is subject to the protection scope of 8. A multi - carrier time - division multiplexing demodula 
the claims . tion method , wherein the characteristics lie in : 

removing prefixes of a received signal , 
The invention claimed is : equalizing the received signal without the prefixes by an 
1. A multi - carrier time - division multiplexing modulation equalizer , 

method , wherein the characteristics lie in : performing an inverse modified discrete Fourier trans 
performing an interleaving allocation on an input symbol ; form ( IMDFT ) treatment to synthesize a full - band 
performing a fast Fourier transform ( FFT ) using a fast frequency domain signal , 

Fourier transform ; and performing an inverse fast Fourier transform ( IFFT ) on 
transforming a time domain symbol into a frequency the synthesized frequency domain signal to generate a 
domain symbol signal to perform a modified discrete time domain signal , 
Fourier transform ( MDFT ) treatment , wherein the char performing symbol inverse ordering on the generated time 
acteristics lie in that the said MDFT treatment com domain signal , and 
prises : a sub - band analyzing and filtering treatment , an 65 obtaining a reconstructed input symbol signal of a sending 
inverse Fourier transform treatment , and an interleav end through a symbol inverse mapping treatment , 
ing operation treatment . wherein the characteristics lie in that the IMDFT treat 
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ment comprises : an inverse interleaving operation an MDFT unit , wherein the said MDFT unit comprises : 
treatment , a Fourier transform treatment , and a sub a sub - band analyzing and filtering module , 
band synthesizing and filtering treatment . an inverse Fourier transform module , and 

9. The demodulation method according to claim 8 , an interleaving operation module . 
wherein the characteristics lie in that the inverse Fourier 5 13. The modulation system according to claim 12 , transform implemented by the said inverse fast Fourier wherein the characteristics lie in that the Fourier transform transform is an NM - point inverse fast Fourier transform . implemented by the unit configured to implement the fast 10. The demodulation method according to claim 8 , Fourier transform is an NM - point fast Fourier transform , N wherein the characteristics lie in that the Fourier transform and M being positive integers that are larger than or equal to implemented by the said Fourier transform is an M - point 10 1 . Fourier transform repeated 2N times . 

11. The demodulation method according to claim 8 , 14. The modulation system according to claim 12 , 
wherein the characteristics lie in that the said sub - band wherein the characteristics lie in that the said sub - band 
synthesizing and filtering treatment comprises : analyzing and filtering module is configured to : 

performing post - filtering on a 2NM point frequency 15 perform pre - filtering on an NM point frequency domain 
domain symbol signal , and symbol signal , 

right - multiplying the 2NM point frequency domain sym construct a coefficient matrix H based on a prototype filter 
bol signal by a transpose matrix of a coefficient matrix function , and 
H to generate an NM point frequency domain symbol right - multiply the NM point frequency domain symbol 
signal . signal by the coefficient matrix H to generate a 2NM 

12. A multi - carrier time - division multiplexing modulation point frequency domain symbol signal . 
system , wherein the characteristics lie in that the modulation 15. The modulation system according to claim 12 , 

wherein the characteristics lie in that the inverse Fourier system comprises : 
a symbol mapping unit , transform implemented by the inverse Fourier transform 
a symbol ordering unit , module is an M - point inverse Fourier transform repeated 2N 

times . a unit configured to implement a fast Fourier transform , 
and 
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