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33 65 97 29 6, 93 225 257 289 32 353 385 47 449 48 53 545 
34 66 98 30 62 94 226 258 290 322 354 386 48 450 482 514 546 
35 67 99 3 63 95 227 2.59 29, 323 355 387 - 9 45 483 55 547 
36 68 OO 32 64 96 2.28 260 292 324 356 388 42O 452 484 516 548 
37 69 O. 33 65 97 229 26, 293 325 357 389 42 453 485 517 549 
38 70 O2 34 166 98 230 262 294 326 358 390 422 454 486 518 550 
39 7 103 135 167 199 23. 263 295 327 359 39 423 455 487 59 55 
40 72 04 136 68 200 232 264. 296 328 360 392 4.24 456 488 52O 552 
4 73 05 37 69 20 233 265 297 329 36. 393 425 457 489 52 553 
42 74 06 38 TO 202 234 266 298 330 362 394 426 458 490 522 554 

43 75 07 39 71. 203 235 267 299 33 363 395 427 459 491 523 555 
76 08 140 172 204 236 268 3OO 332 364 396 428 460 492 524 556 

45 77 09 14 73 205 237 269 30 333 365 397 .429 46 1 493 525 557 
46 78 O 42 74. 206 2.38 27O 302 334 366 398 430 462 494 526 558 
47 79 143 75 207 239 27 303 335 367 399 43 463 495 527 559 
48 80 2 44 76 208 24O 272 304 336 368 400 .432 464 496 528 560 
49 8 3 45 77 209 24, 273 305 337 369 40 433 465 497 529 56 
5O 82 4 46 78 20 242 274 306 338 370 402 434 466 498 530 562 
51 83 5 47 79 2 243, 275 307 339 371 403 435 - 467 499 53 563 
52 84 16 48 80 22 244 276 308 340 372 4O4. 436 468 500 532 564 
S3 85 17 149 8 23, 245 277 309 341 373 405 4 37 469 50 S33 565 
54 86 18 150 82 24 246 278 30 342 374 406 438 4TO 502 534 566 
55 87 119 151 83 2 5 247 279 31 343 375 407 439 47 1 SO3 535 S67 
56 88 120 52 84. 216 248 280 32 344 376 408 440 472 504 536 568 
57 89 12 53 85 2.17 249 28 33 345 377 409 44 473 SO5 537 569 
58 90 122 54 86 218 250. 282 3 4 346 378 4 O 442 474 506 538 570 
59 9 23 55 187 219 25 283 35 347 379 4 443 475 507 539 S7 
6O 92 24 56 88 220 252. 284 36 348 380 42 444 476 508 540 S72 
6 93 25 57 89 22 253 285 37 349 38 43 445 477 509 54 573 

62 94 126 158 190 222 254 286 318 350 382 414 446 478 510 542 574 
63 95 27 59 19 223 2.5S 287 39 35 383 4 5 447 479 5 543 575 

96 28 60 92 224 256 288 320 352 384 416 448 480 52 544 576 

FIG. 5A 
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7 33 49 65 8 97 13 129 45 16 77 193 209 225 24 257 273 
7 33 49 65 8 97 13 29 145 16 177 193 209 225 24 257 273 
8 34 50 66 82 98 4 130 146 62 78 194 210 226 242 258. 274 
8 34 50 66 82 98 4 130 146 62 178 194 210 226 242 258 274 
9 35 5 67 83 99 5 131 147 63 79 95 2 227 243 259 275 
9 3.5 5, 67 83 99 5 31 147 63 79 95 2 227 243 259 275 
2O 36 S2 68 84 OO 6 32 148 64 80 196 212 228 244. 260 276 
20 36 52 68 84 100 6 32 48 64 80 196 212 228 244 26O 276 
2 37 53 69 85 O 7 33 49 65 8, 197 213 229 245 26, 277 
2 37 53 69 85 0 7 33 49 65 8, 197 213 229 245 26, 277 
22 38 54 70 86 O2 8 34 50 66 182 98 24 230 246 262 278 
22 38 54 70 86 O2 8 34 150 66 182 98 24 230 246 262 2.78 
23 39 55 71 87 O3 9 35 15 67 83 99 25 23 247 263 2.79 
23 39 55 7 87 103 9 135 15 67 183 99 2 5 231 247 263 279 
24 40 56 72 88 04 20 136 52 168 l84 200 216 232 248 264 280 
24 40 56 72, 88 104 20 136 52 168 84 200 26 232 248 264. 280 
25 4 S7 73 89 OS 2. 37 53 169 185 201 27 233 249 265 281 
25 41 57 73 89 105 2. 37 53 169 85 201 217 233 249 265 281 
26 42 58 74 90 06 22 38 54 70 86 202 218 234 250 266 282 
26 42 58 74. 90 06 22 38 S4 70 86 202 218 234 25O 266 282 
2T 43 59 75 91 1 07 23 39 55 71 187 203 219 235 25i 267 283 
27 59 75 9. 107 123 39 55 7 187 203 29 235 2.5i 267 283 
28 60 76 92 08 24 40. 56 72 188 204 220 236 252 268 284 
28 6O 76 92 O8 24 40 156 72 188 204 220 236 252 268 284 
29 61 77 93 09 125 4 157 73 89 205 22, 237 253 269 285 
29 45 6, 77 93 09 125 14 157 73 89 205 22, 237 253 269 285 
30 46 62 78 94 10 126 1 42 58 74. 90 206 222 238 254 27O 286 
30 46 62 78 94 O 26 142 58 174 90 206 222 238 254 270 286 
3 47 63 79 95 27 43 59 175 9 207 223 239 255 27 287 
3 47 79 95 27 43 59 175 91 207 223 239 255 27 287 
32 48 96 2 28 44 60 76, 192 208 224 24O 256 272 288 
32 48 80 96 2 28 44 60 76 92 208 224 24O 256 272 288 
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9 17 25 33 4. 49 57 65 73 81 89 97 O5 3 2 29 37 
9 17 25 33 4 49 57 65 73 8 89 97 OS 3 2 129 137 
9 17 25 33 4. 49 57 65 73 8 89 97 05 13 121 129 137 
9 17 25 33 4 49 57 65 73 8 89 97 O5 13 12 129 137 
O 8 26 34 42 50 58 66 74 82 90 98 06 14 22 130 138 
O 8 26 34 42 50 58 66 74 82 90 98 106 1 4 22 130 38 
O 8 26 34 42 50 58 66 74 82 90 98 06 4 22 30 38 
O 8 26 34 42 50 58 66 74 82 90 98 06 14 22 30 38 

19 27 35 43 5 59 67 75 83 9 99 O7 5 23 3 39 
19 27 35 43 5 59 67 75 83 9 99 O7 5 123 3: 39 
19 27 35 43 5 59 67 75 83 9 99 iO7 5 123 3 39 
9 27 35 51 59 67 75 83 9 99 iO7 15 123 3 39 

12 20 28 36 52 60 68 76 84 92 100 108 16 24 32 40 
12 20 28 36 52 6O 68 76 84 92 Ot) 108 16 24 32 140 
12 20 28 36 52 60 68 76 84 92 OO 108 16 24 132 140 
12 20 28 36 52 6O 68 76 84 92 100 108 6 24 32 140 

21 29 37 45 53 61 69 77 85 93 10 O9 17 125 33 41 
13 2 29 37 45 53 61 69 77 85 93 10 109 17 125 33 41 
13 2 29 37 45 53 61 69 77 85 93 10 O9 17 125 33 41 
3 2 29 37 45 53 61 69 77 85 93 Oi O9 17 25 33 41 
4 22 30 38 46 54 62 70 78 86 94 102 0 8 126 34 42 
4, 22 3O 38 46 54 62 70 78 86 94 102 0 1 18 26 34 142 
4 22 30 38 46 54 62 70 78 86 94 102 0 1 18 26 134 142 
4 22 30 38 46 54 62 70 78 86 94 102 1 0 1 18 126 34 142 
5 23 3 39 47 55 63 71 79 87 95 O3 19 127 35 43 

15 23 3 39 47 55 63 7 79 87 95 O3 19 127 35 43 
15 23 3 39 47 55 63 7 79 87 95 O3 11 119 27 35 143 
15 23 3 39 47 55 63 7 79 87 95 O3 11 119 27 35 143 
6 24 32 40 48 56 64 72 80 88 96 04 12 20 28 136 44 
6 24 32 40 48 56 64 72 80 88 96 04 2 120 28 136 44 
6 24 32 40 48 56 64 72 80 88 96 04 12 120 28 136 44 
6 24 32 40 48 56 64 72 80 88 96 0.4 12 20 28 36 44 
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5 9 3 T 2 25 29 33 37 4 45 49 53 57 6 65 69 
5 9 3 7 2 25 29 33 37 4 45 49 53 57 61 65 69 
5 9. 3 T 2 25 29 33 37 4 45 49 S3 57 61 65 69 
5 9 3 T 2 25 29 33 37 4 45 49 53 57 6 65 69 

1 5 9 3 T 21 25 29 33 37 4 45. 49 53 57 6 65 69 
1 5 9 3, 17 2 25 29 33 37 4 45 49 53 57 6 65 69 
1 5 9 3 T 2 25 29 33 37 4 45 49 53 57 6 65 69 
1 5 9 13 T 2 25 29 33 37 4 45. 49 53 S7 6 65 69 
2 6 O 14 8 22 26 30 34 38 42 46, 50. 54 58 62 66 70 
2 6 O 4 3 22 26 30 34 38 42 46, 50 54 58 62 66 70 
2 6 O 4 8 22 26 30 34 38 42 46 50 54 58 62 66 70 
2 6 O 4, 18 22 26 3O 34 38 42 46, 50 54 58 62 66 70 
2 6 O 4 8. 22 26 3O 34 38 42 46, 50 54 58 62 66 70 
2 6 O 4 8 22 26 3O 34 38 42 46, 50 54 58 62 66 70 
2 6 O. 4 8 22 26 30 34 38 42 46 SO 54 58 62 66 70 
2 6 O 14 18 22 26 30 34 38 42 46 SO 54 58 62 66 70 
3 7 15 19 23 27 31 35 39 43 4 5 55 59 63 67 7 
3 7 15 9 23 27 3. 35 39 43 47 5 55 59 63 67 7 
3 7 1 5 9 23 27 3. 35 39 43 5 55 59 63 67 7 
3 T 1 5 9 23 27 3. 35 39 43 4 5 55 59 63 67 7 
3 7 15 g 23 27 3. 35 39 43 4 5 55 59 63 67 7 
3 7 5 9 23 27 3. 35 39 43 T 51 55 59 63 67 7 
3 7 15 9 23 27 31 35 39 43 4 5) 55 59 63 67 7 
3 7 15 9 23 27 31 35 39 43 4 5 55 59 63 67 7 
4 8. 2 6 20 2A 28 32 36 40 44 48 52 56 6O 64 68 72 
4 8 2 6 20 24 28 32 36 40 44 48 52 56 6O 64 68 72 
4 8. 2 6 20 2A 28 32 36 40 44 48 52 56 6O 64 68 72 
4 8. 2 6, 20 24 28 32 36 40 44 48 52 56 6O 64 68 72 
4 8. 2 6 20 24 28 32 36 40 44 48 52 56 60 64 68 72 
4 8. 2 16 20 24 28 32 3G 4O 44 48 52 56 GO 64 68 72 
4 8. 2 16 20 24 28 32 36 40 44 48 52 S6 60 64 68 72 
4 8. 2 6, 20 2A 28 32 36 40 44 48 52 56 60 64 68 72 

FI G. 5 D 
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SYSTEMAND METHOD FOR REDUCING 
INTERFERENCE GENERATED BY A CDMA 

COMMUNICATIONS DEVICE 

CROSS REFERENCE OF APPLICATION 

This is a continuation application of U.S. application Ser. 
No. 08/639,572, filed Apr. 29, 1996, now U.S. Pat. No. 
6,205,109, issued Mar. 20, 2001 to Antonio et al., entitled 
“System and Method for Reducing Interference Generated 
by a CDMA Communications Device. 

BACKGROUND OF THE INVENTION 

I. Field of the Invention 

The present invention relates generally to communica 
tions Systems in which data is transmitted by user commu 
nications devices. More particularly, the present invention is 
directed to a novel System and method for reducing inter 
ference generated by a code division multiple access 
(CDMA) communications device. 

II. Description of the Related Art 
The use of variable rate encoding techniques in a code 

division multiple access (CDMA) system provides the abil 
ity to reduce the amount of information used to represent 
Speech or other data as compared with fixed rate encoding 
techniques. For example, by using variable rate Vocoding 
techniques fewer bits of information may be transmitted 
when speech levels are low. In a CDMA communication 
System as described in the Telecommunications Industry 
Association (TIA)/Electronic Industries Association (EIA) 
Interim Standard IS-95A entitled “Mobile Station-Base 
Station Compatibility Standard for Dual-Mode Wideband 
Spread Spectrum Cellular System,” variable rate encoded 
Speech or data is transmitted by the communication unit 
using frames of a fixed time duration. For data rates which 
are less than the maximum rate, the extra Space available in 
the frame may carry Signaling bits, if available, or Secondary 
traffic bits if the communication unit is utilizing, for 
example, Simultaneous voice and data Service options. 
However, if there are not enough bits between primary traffic 
and Signaling or Secondary traffic to fill up an entire frame, 
the remaining blank Space in the frame may be distributed 
among the transmitted bits in a pseudo-random manner, 
resulting in “bursts of data being transmitted intermittently 
throughout the frame. During this blank Space, the trans 
mitter is gated off. 

Alternatively, for low rate encoded speech or other data, 
the information bits may be repeated as necessary to fill the 
frame instead of turning off the transmitter. In Such a case, 
the power of the transmitter is nonetheless typically reduced 
to conserve battery life and System capacity, Since the data 
redundancy in the frame allows a Satisfactory probability of 
Successful reception at a lower Signal-to-noise ratio. 
AS can be seen, the use of variable rate transmission 

techniques leads to Significant variation in the transmit 
power level of the CDMA transmitter during each frame. 
The variation in power level may be a mere reduction in the 
case of repeated bits, or turning off in the case of pseudo 
random burst distribution throughout the frame. This varia 
tion of the Subscriber Station's transmit power produces a 
transmitted Signal which is capable of interfering with the 
operation of nearby electronic equipment. Because this 
Variation modulates the amplitude of the RF energy 
transmitted, interference which is caused by Such transmit 
power variation is referred to herein as “amplitude modu 
lation interference,” or simply “AM interference.” It has 
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2 
been found that many electronic devices, Such as hearing 
aids, tend to act as AM detectors, leading to interference 
being incurred during operation in the presence of transmit 
ters which vary the amplitude of the transmitted Signal. 

Accordingly, what is needed is a transmission Scheme for 
a CDMA communication system which minimizes the 
potential for interference with electronic devices. 

SUMMARY OF THE INVENTION 

The present invention is directed to a System and method 
for reducing the interference experienced by Sensitive elec 
tronic devices, Such as hearing aids, operative in the vicinity 
of CDMA user communication devices. As mentioned 
previously, in CDMA communication Systems the transmis 
sion of data at variable rates may yield a certain level of AM 
interference. The various embodiments of the present inven 
tion are designed to Substantially reduce or eliminate Such 
interference. The present invention is particularly Suitable 
for implementation in a CDMA communication System, 
Such as cellular, mobile, wireless local loop, PCS, and 
Satellite applications, in which System users nominally trans 
mit data at variable rates. 

In the present invention, a reduced interference mode 
signal is provided to the controller of a CDMA communi 
cation device associated with an authorized hearing 
impaired user. Such authorization will typically be extended 
to, for example, hearing-impaired users equipped with an 
electronic hearing aid or the like. In response to the reduced 
interference mode Signal, a transmitter of the communica 
tions device is configured to transmit RF energy at a full-rate 
power level Substantially continuously irrespective of the 
variable data rate at which the transmitter would otherwise 
be operative due either to the instantaneous level of user 
Speech activity or to the data rate of non-voice data being 
provided to the transmitter. 
The CDMA communication device may be configured for 

Substantially continuous transmission in response to the 
constant transmission mode Signal in many different ways. 
In a first embodiment of the present invention applicable to 
variable rate encoded Speech, a variable rate Vocoder within 
the transmitter is directed to encode Voice data at a full-rate 
irrespective of the instantaneous level of user Speech activ 
ity. By performing continuous full-rate Vocoding, the Vari 
able rate Vocoder generates Sufficient bits to fill each frame, 
resulting in the continuous transmission of full-rate frames. 
By continuously transmitting full-rate frames, the commu 
nication device avoids the generation of the AM interference 
normally associated with the transmission of variable rate 
Vocoded speech. 

In a Second embodiment of the present invention appli 
cable to both variable rate encoded Speech and non-speech 
data, a controller within the transmitter generates only full 
frames. When non-full rate data is provided to the controller, 
it generates full frames consisting of repeated versions of the 
non-full rate data. However, each of the frames containing 
repeated data is transmitted at a full rate power level. The 
transmit power level is not reduced in response to the 
amount of data redundancy in the frame. By continuously 
transmitting full frames at a full rate power level, the 
communication device avoids the generation of the AM 
interference normally associated with the transmission of 
variable rate Vocoded speech and non-vocoded data. 

In a third embodiment of the present invention applicable 
to both variable rate encoded speech and non-speech data, a 
controller in the communication device builds only full-rate 
frames of data for transmission. If there are not enough bits 
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to fill the frame between primary traffic, Signaling and 
Secondary traffic, the controller pads the frame with Signal 
ing traffic of a unique pattern to fill the full rate frame. In this 
embodiment, the base Station recognizes the unique pattern 
of Signaling traffic, and discards it upon reception. By 
continuously transmitting full-rate frames, the communica 
tion device avoids the generation of the AM interference 
normally associated with the transmission of variable rate 
Vocoded speech and non-Vocoded data. 

It should be noted that in each of the above-described 
embodiments, the present invention is not limited to a 
particular frame length or multiplex format. For example, 
the teachings of the present invention are equally applicable 
to the 14.4 kbps service option multiplex format of ANSI 
J-STD-008 entitled “Personal Station-Base Station Com 
patibility Requirements for 1.8 to 2.0 Ghz Code Division 
Multiple Access (CDMA) Personal Communications Sys 
tems” as they are to the 9.6 kbps service option multiplex 
format of IS-95A. 

A number of authorization Schemes may be instituted as 
a means of ensuring that only those CDMA communication 
units associated with Selected eligible users (e.g., hearing 
impaired users) are permitted to engage in the type of 
reduced interference transmission contemplated by the 
invention. For example, only eligible hearing impaired users 
could be allowed to purchase CDMA communication units 
pre-authorized for operation in a reduced interference mode. 
Alternately, eligible hearing impaired users could obtain 
authorization from their cellular Service provider after pur 
chase of a CDMA communication unit capable of reduced 
interference mode operation. Additionally, reduced interfer 
ence mode operation, once authorized, could be activated 
either by dataport programming of the communication 
device or by over-the-air Service programming. 

BRIEF DESCRIPTION OF THE DRAWINGS 

The features, objects, and advantages of the present 
invention will become more apparent from the detailed 
description Set forth below when taken in conjunction with 
the drawings in which like reference characters identify 
correspondingly throughout and wherein: 

FIG. 1 is a block diagram illustrating an exemplary 
transmitter portion of a CDMA transceiver disposed for 
reduced interference mode operation in accordance with the 
invention; 

FIGS. 2a-2h are a Series of diagrams illustrating frame 
multiplex option formats for the various data rates and types; 

FIG. 3 is a diagram illustrating an exemplary circuit 
implementation of the CRC and Tail Bit generator of FIG. 1; 

FIGS. 4a-4e are a series of flow charts illustrating the 
process of formatting the data frames, 

FIGS. 5a-5d illustrate in a series of charts the ordering of 
code Symbols in the interleaver array for transmission data 
rates of 9.6, 4.8, 2.4 and 1.2 kbps, respectively; 

FIGS. 6a-6c are a series of charts illustrating the Walsh 
Symbols corresponding to each encoder Symbol group; 

FIG. 7 is a block diagram illustrating the long code 
generator of FIG. 1; 

FIGS. 8a–8c are a series of diagrams illustrating long 
code masks for the various channel types; 

FIG. 9 is a graph illustrating the frequency response of the 
digital filters of FIG. 1; 

FIGS. 10a–10a are a series of diagrams illustrating data 
positioning within the frames for the various data rates while 
FIG. 10e is a diagram illustrating the data used in determin 
ing data position within the frame; and 
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FIG. 11 is an illustration, in block diagram, of selected 

portions of a communication System capable of operation in 
the reduced interference mode of the present invention. 

DETAILED DESCRIPTION OF THE 
PREFERRED EMBODIMENTS 

I. Overview of Exemplary CDMA Transmission 
System 

Referring now to the drawings, FIG. 1 illustrates an 
exemplary embodiment of a transmit portion 10 of a CDMA 
communication unit transceiver. The operation of the 
CDMA transceiver in accordance with the reduced interfer 
ence modes contemplated by the invention is described 
below in section II. It should be noted that the present 
invention is applicable to CDMA transceivers in non 
cellular applications Such as wireless local loop, PCS, and 
Satellite Systems. However, for purposes of illustration, it 
will Suffice to refer to a cellular mobile station transceiver. 

In a CDMA cellular communication system a forward 
CDMA channel is used to transmit information from a cell 
base Station to the mobile Station. Conversely, a reverse 
CDMA channel is used to transmit information from the 
mobile Station to the cell base Station. The communication of 
Signals from the mobile Station may be characterized in the 
form of an access channel or a traffic channel communica 
tion. The acceSS channel is used for short Signaling messages 
Such as call originations, responses to pages, and registra 
tions. The traffic channel is used to communicate (1) primary 
traffic, typically user Speech data, or (2) Secondary traffic, 
typically user non-speech data, or (3) Signaling traffic, Such 
as command and control Signals, or (4) a combination of 
primary traffic and Secondary traffic or (5) a combination of 
primary traffic and Signaling traffic. 

Transmit portion 10 enables data to be transmitted on the 
reverse CDMA channel at data rates of 9.6 kbps, 4.8 kbps, 
2.4 kbps or 1.2 kbps. Transmissions on the reverse traffic 
channel may be at any of these data rates while transmis 
Sions on the access channel are at the 4.8 kbps data rate. The 
transmission duty cycle on the reverse traffic channel will 
vary with the transmission data rate. Specifically, the trans 
mission duty cycle for each rate is provided in Table I. As the 
duty cycle for transmission varies proportionately with the 
data rate, the actual burst transmission rate is fixed at 28,800 
code symbols per Second. Since Six code Symbols are 
modulated as one of 64 Walsh symbols for transmission, the 
Walsh symbol transmission rate shall be fixed at 4800 Walsh 
symbols per second which results in a fixed Walsh chip rate 
of 307.2 kcps. 

All data that is transmitted on the reverse CDMA channel 
is convolutional encoded, block interleaved, modulated by 
64-ary orthogonal modulation, and direct-Sequence PN 
spread prior to transmission. Table I further defines the 
relationships and rates for data and Symbols for the various 
transmission rates on the reverse traffic channel. The numer 
ology is identical for the access channel except that the 
transmission rate is fixed at 4.8 kbps, and the duty cycle is 
100%. As described later herein each bit transmitted on the 
reverse CDMA channel is convolutional encoded using a 
rate /3 code. Therefore, the code symbol rate is always three 
times the data rate. The rate of the direct-Sequence spreading 
functions shall be fixed at 1.2288 Mhz. So that each Walsh 
chip is spread by precisely four PN chips. 
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TABLE I 

Bit Rate (kbps) 9.6 4.8 2.4 1.2 

PN Chip 12288 12288 12288 12288 
Rate (Mcps) 
Code Rate 1/3 1/3 1/3 1/3 
(bits/code 
symbol) 
TX Duty 1OO.O SO.O 25.0 12.5 
Cycle (%) 
Code Symbol 288OO 288OO 288OO 288OO 
Rate (sps) 
Modulation 6 6 6 6 
(code symbol? 
Walsh symbol) 
Walsh Symbol 4800 48OO 4800 48OO 
Rate (sps) 
Walsh Chip 3.07.20 3.07.20 3.07.20 3.07.20 
Rate (kcps) 
Walsh 208.33 208.33 208.33 208.33 
Symbol (ms) 
PN Chips/ 42.67 42.67 42.67 42.67 
Code Symbol 
PN Chips/ 256 256 256 256 
Walsh Symbol 
PN Chips/ 4 4 4 4 
Walsh Chip 

Transmit portion 10, when functioning in a mode in which 
primary traffic is present, communicates acoustical signals, 
Such as Speech and/or background noise, as digital signals 
over the transmission medium. To facilitate the digital 
communication of acoustical signals, these signals are 
Sampled and digitized by well known techniques. For 
example, in FIG. 1, Sound is converted by microphone 12 to 
an analog signal which is then converted to a digital signal 
by CODEC 14. CODEC 14 typically performs an analog to 
digital conversion process using a Standard 8-bit/mlaw for 
mat. In the alternative, the analog signal may be directly 
converted to digital form in a uniform pulse code modula 
tion (PCM) format. In an exemplary embodiment, CODEC 
14 uses 8 kHz Sampling and provides an output of 8-bit 
Samples at the Sampling rate, So as to realize a 64 kbps data 
rate. 

The 8-bit samples are output from CODEC 14 to vocoder 
16 where an mlaw/uniform code conversion process is 
performed. In Vocoder 16, the Samples are organized into 
frames of input data wherein each frame is comprised of a 
predetermined number of Samples. In a preferred implemen 
tation of vocoder 16 each frame is comprised of 160 samples 
or of 20 msec. of speech at the 8 kHz Sampling rate. It should 
be understood that other Sampling rates and frame sizes may 
be used. Each frame of Speech Samples is variable rate 
encoded by vocoder 16 with the resultant parameter data 
formatted into a corresponding data packet. The Vocoder 
data packets are then output to microprocessor 18 and 
asSociated circuitry for transmission formatting. Micropro 
ceSSor 18 generically includes program instructions con 
tained with a program instruction memory, a data memory, 
and appropriate interface and related circuitry as is known in 
the art. 
A preferred implementation of vocoder 16 utilizes a form 

of the Code Excited Linear Predictive (CELP) coding tech 
niques So as to provide a variable rate in coded speech data. 
A Linear Predictive Coder (LPC) analysis is performed upon 
a constant number of Samples, and the pitch and codebook 
Searches are performed on varying numbers of Samples 
depending upon the transmission rate. A variable rate 
vocoder of this type is described in further detail in U.S. Pat. 
No. 5,414,796, entitled “VARIABLE RATE VOCODER 
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and assigned to the assignee of the present invention. 
Vocoder 16 may be implemented in an application specific 
integrated circuit (ASIC) or in a digital signal processor. 

In the variable rate Vocoder just mentioned, the Speech 
analysis frames are 20 mSec. in length, implying that the 
extracted parameters are output to microprocessor 18 in a 
burst 50 times per second. Furthermore the rate of data 
output is varied from roughly 8 kbps to 4 kbps to 2 kbps, and 
to 1 kbps. 
At full rate, also referred to as rate 1, data transmission 

between the vocoder 16 and the microprocessor 18 is at an 
8.55 kbps rate. For the full rate data the parameters are 
encoded for each frame and represented by 160 bits. The full 
rate data frame also includes a parity check of 11 bits thus 
resulting in a full rate frame being comprised of a total of 
171 bits. In the full rate data frame, the transmission rate 
between the vocoder 16 and the microprocessor 18 absent 
the parity check bits would be 8 kbps. 
At half rate, also referred to as rate 72, data transmission 

between the Vocoder and the microprocessor is at a 4 kbps 
rate with the parameters encoded for each frame using 80 
bits. At quarter rate, also referred to as rate /4, data trans 
mission between the vocoder 16 and the microprocessor 18 
is at a 2 kbps rate with the parameters encoded for each 
frame using 40 bits. At eighth rate, also referred to as rate /s, 
data transmission between the Vocoder 16 and the micro 
processor 18 is slightly less than a 1 kbps rate with the 
parameters encoded for each frame using 16 bits. 

In addition, no information may be sent in a frame 
between the vocoder 16 and the microprocessor 18. This 
frame type, referred to as a blank frame, may be used for 
Signaling or other non-vocoder data. 
The Vocoder data packets are then output to micropro 

cessor 18 and then to CRC and Tail Bit generator 20 for 
completing the transmission formatting. Microprocessor 18 
receives packets of parameter data every 20 mSec., along 
with a rate indication for the rate the frame of Speech 
Samples, was encoded. Microprocessor 18 also receives, if 
present, an input of Secondary traffic data for Output to 
generator 20. Microprocessor 18 also internally generates 
Signaling data for output to generator 20. Data whether it is 
primary traffic, Secondary traffic or Signaling traffic matter, 
if present, is output from microprocessor 18 to generator 20 
every 20 msec. frame. 

Generator 20 generates and appends at the end of all full 
and half rate frames a Set of parity check bits or cyclic 
redundancy check bits (CRC Bits) which are used at the 
receiver as a frame quality indicator. For a full rate frame, 
regardless of whether the data is a full rate primary, Sec 
ondary or Signaling traffic, or a combination of half rate 
primary and Secondary traffic, or a combination of half rate 
primary and Signaling traffic, generator 20 preferably gen 
erates a set of CRC Bits according to a first polynomial. For 
a half rate data frame, generator 20 also generates a Set of 
CRC Bits preferably according to a Second polynomial. 
Generator 20 further generates for all frames, regardless of 
the frame data rate, a set of Encoder Tail Bits. The Encoder 
Tail Bits follow the CRC bits, if present, or data if the CRC 
bits are not present, but in either case the Encoder Tail Bits 
are placed at the end of the frame. Further details of the 
operation on microprocessor 18 and generator 20 are pro 
vided later herein with reference to FIGS. 3 and 4. 

FIGS. 2a-2h illustrate the frame formatting of data for the 
various data rates and data types for the reverse traffic 
channel. It should be noted that the illustrated frame for 
matting is merely exemplary and that other frame formats 
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may be readily substituted therefor. Specifically, FIGS. 
2a-2e illustrate the data formatting for the various data 
types, i.e. Vocoder and non-Vocoder or combination thereof, 
at the 9.6 kbps data rate. FIGS. 2f 2h illustrate the data 
formatting for Vocoder data at rates 4.8, 2.4 and 1.2 kbps, 
respectively. In FIGS. 2a-2h in addition to the primary 
traffic bits and/or signaling/secondary traffic bits, additional 
control bits are transmitted in the frame. The following 
notation applies to the control bits in FIGS. 2a-2h and the 
bit values: 

Mixed Mode Bit (MM): 
0-Primary Traffic Only 
1-Primary Traffic and/or Signaling Traffic or Sec 
ondary Traffic 

Traffic type Bit (TT): 
0-Signaling Traffic 
1-Secondary Traffic 

Traffic Mode Bits (TM): 
00-80 Primary Traffic Bits and either 88 Signaling 
Traffic or 88 Secondary Traffic Bits 

*01-40 Primary Traffic Bits and either 128 Signaling 
Traffic or 128 Secondary Traffic Bits 
10-16 Primary Traffic Bits and either 152 Signaling 
Traffic or 152 Secondary Traffic Bits 
11-168 Signaling Traffic Bits or 168 Secondary 
Traffic Bits 

Frame Quality Indicator Bits-CRC (F); and 
Encoder Tail Bits (T) 
Reverse traffic channel frames provided from generator 

20 at the 9.6 kbps rate are 192 bits in length and span the 20 
msec. frame. These frames consist of a single Mixed Mode 
Bit, auxiliary format bits if present, message bits, a 12-bit 
frame quality indicator (CRC), and 8 Encoder Tail Bits as 
shown in FIGS. 2a-2e. The Mixed Mode Bit shall be set to 
0 during any frame in which the message bits are primary 
traffic information only. When the Mixed Mode Bit is 0, 
the frame shall consist of the Mixed Mode Bit, 171 Primary 
Traffic bits, 12 CRC Bits, and 8 Encoder Tail Bits. 

The Mixed Mode Bit is set to 1 for frames containing 
Secondary or Signaling traffic. In these instances the first bit 
following the Mixed Mode Bit is a Traffic Type Bit. The 
Traffic Type Bit is used to specify whether the frame 
contains Secondary or Signaling traffic. If the Traffic Type Bit 
is a '0, the frame contains Signaling traffic, and if a '1', the 
frame contains secondary traffic. FIGS.2b-through 2e illus 
trate the use of the Traffic Type Bit, with the Traffic Type Bit 
Set to 0 for Signaling traffic. 

The two auxiliary format bits following the Traffic Type 
Bit are Traffic Mode Bits. These bits indicate the number of 
bits that are used for primary traffic information, and the 
number of bits that shall be used for either signaling or 
secondary traffic information within that frame. Referring to 
FIG.2b, in the exemplary and preferred embodiment, 80 bits 
are used for primary traffic (half rate Vocoder data packet) 
while 88 bits are used for Signaling or Secondary traffic. 

In the preferred implementation, only primary traffic is 
transmitted in frames at the 4.8 kbps, 2.4 kbps, and 1.2 kbps 
rates. Mixed mode operation is generally not Supported at 
rates other than the 9.6 kbps rate, although it may be readily 
configured. The frame formats for these particular rates are 
shown in FIGS. 2f 2h. For the 4.8 kbps rate, the frame is 96 
bits in length with the bits spaced over the 20 msec. time 
period of the frame as described later herein. The 4.8 kbps 
rate frame contains 80 primary traffic bits, an 8-bit frame 
quality indicator (CRC), and 8 Encoder Tail Bits. For the 2.4 
kbps rate, the frame is 48-bits in length with the bits spaced 
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8 
over the 20 msec. time period of the frame as also described 
later herein. The 2.4 kbps rate frame contains 40 primary 
traffic bits and 8 Encoder Tail Bits. For the 1.2 kbps rate, the 
frame is 24-bits in length with the bits spaced over the 20 
mSec. time period of the frame as also described later herein. 
The 1.2 kbps rate frame contains 16 primary traffic bits and 
8 encoder tail bits. 

In a preferred embodiment, the access channel data is 
generated by microprocessor 18 for transmission at a rate of 
4.8 kbps. AS Such the data is prepared in a manner identical 
to that of 4.8 kbps frame format data, Such as encoding, 
interleaving and Walsh encoding. In the encoding Scheme 
implemented for the 4.8 kbps data, whether reverse traffic 
channel data or acceSS channel data, redundant data is 
generated. Unlike the reverse traffic channel where the 
redundant data is eliminated in the transmission, in the 
acceSS channel all data including redundant data is trans 
mitted. Details on the transmission aspects of frames of 
acceSS channel data are provided later herein. 

FIG. 3 illustrates an exemplary implementation of the 
elements for formatting the data in accordance with FIGS. 
2a-2h. In FIG. 3, data is transmitted from microprocessor 18 
(FIG. 1) to generator 20. Generator 20 is comprised of data 
buffer and control logic 60, (hereinafter referred to as logic 
60), CRC circuits 62 and 64, and Tail Bit circuit 66. Along 
with data provided from the microprocessor 18, a rate 
command may optionally be provided. Data is transferred 
for each 20 msec. frame from the microprocessor to logic 60 
where temporarily stored. For each frame, logic 60 may 
count the number of bits transmitted from the 
microprocessor, or in the alternative use the rate command 
and a count of the clock cycles in formatting a frame of data. 

Each frame of the traffic channel includes a frame quality 
indicator. For the 9.6 kbps and 4.8 kbps transmission rates, 
the frame quality indicator is the CRC. For the 2.4 kbps and 
1.2 kbps transmission rates, the frame quality indicator is 
implied, in that no extra frame quality bits are transmitted. 
The frame quality indicator Supports two functions at the 
receiver. The first function is to determine the transmission 
rate of the frame, while the Second function is to determine 
whether the frame is in error. At the receiver these determi 
nations are made by a combination of the decoder informa 
tion and the CRC checks. 

For the 9.6 kbps and 4.8 kbps rates, the frame quality 
indicator (CRC) is calculated on all bits within the frame, 
except the frame quality indicator (CRC) itself and the 
Encoder Tail Bits. Logic 60 provides the 9.6 kbps and 4.8 
kbps rate data respectively to CRC circuits 62 and 64. 
Circuits 62 and 64 are typically constructed as a Sequence of 
shift registers, modulo-2 adders (typically exclusive-OR 
gates), and Switches as illustrated. 
The 9.6 kbps transmission rate data uses a 12-bit frame 

quality indicator (CRC), which is to be transmitted within 
the 192-bit long frame as discussed with reference to FIGS. 
2a-2e. As illustrated in FIG. 3 for CRC circuit 62, the 
generator polynomial for the 9.6 kbps rate is as follows: 

(1) 

The 4.8 kbps transmission rate data uses an 8-bit CRC, 
which is transmitted within the 96-bit long frame as dis 
cussed with reference to FIG.2f. As illustrated in FIG. 3 for 
CRC circuit 64, the generator polynomial for the 4.8 kbps rat 
e is a s follows: 

(2) 

Initially, all shift register elements of circuits 62 and 64 
are set to logical one (1) by an initialization signal from 



US 6,714,597 B1 
9 

logic 60. Furthermore logic 60 sets the Switches of circuits 
62 and 64 in the up position. 

For 9.6 kbps rate data, the registers of circuit 62 are then 
clocked 172 times for the 172 bits in the sequence of primary 
traffic, Secondary traffic or Signaling bits or a mixture thereof 
along with the corresponding mode/format indicator bits as 
input to circuit 62. After 172 bits are clocked through circuit 
62, logic 60 then sets the Switches of circuit 62 in the down 
position with the registers of circuit 62 then being clocked 
an additional 12 times. As a result of the 12 additional 
clockings of circuit 62, 12 additional output bits are gener 
ated which are the CRC bits. The CRC bits, in the order 
calculated, are appended to the end of the 172 bits as output 
from circuit 62. It should be noted that the 172 bits output 
from logic 60 which pass through circuit 62 are undisturbed 
by the computation of the CRC bits and are thus output from 
circuit 62 in the Same order and at the same value at which 
they entered. 

For 9.6 kbps rate, data bits are input to circuit 62 from 
logic 60 in the following order. For the case of primary 
traffic only, the bits are input to circuit 62 from logic 60 in 
the order of the single mixed mode (MM) bit followed by the 
171 primary traffic bits. For the case of dim and burst with 
rate one-half primary and Signaling traffic as shown in FIG. 
2b, the bits are input to circuit 62 from logic 60 in the order 
of the single MM bit, a traffic type (TT) bit, a pair of traffic 
mode (TM) bits, 80 primary traffic bits, and 88 signaling 
traffic bits. For the case of “blank and burst data format with 
Signaling traffic only as shown in FIG.2e, the bits are input 
to circuit 62 from logic 60 in the order of the single MM bit, 
the TT bit, a pair of traffic mode (TM) bits and 168 signaling 
traffic bits. 

Similarly for 4.8 kbps rate data, the registers of circuit 64 
are clocked 80 times for the 80 bits of primary traffic data, 
or for the 80 bits of access channel data, as input to circuit 
64 from logic 60. After the 80 bits are clocked through 
circuit 64, logic 60 then sets the Switches of circuit 64 in the 
down position with the registers of circuit 64 then being 
clocked an additional 8 times. As a result of the 8 additional 
clockings of circuit 64, 8 additional output bits are generated 
which are the CRC bits. The CRC bits, in the order 
calculated, are again appended to the end of the 80 bits as 
output from circuit 64. It should again be noted that the 80 
bits output from logic 60 which pass through circuit 64 are 
undisturbed by the computation of the CRC bits and are thus 
output from circuit 64 in the Same order and at the same 
value at which they entered. 

The bits output from either of circuits 62 and 64 are 
provided to Switch 66 which is under the control of logic 60. 
Also input to Switch 66 are the 40 and 16 bits of primary 
traffic data output from logic 60 for 2.4 kbps and 1.2 kbps 
data frames. Switch 66 Selects between providing an output 
of the input data (up position) and tail bits at a logical Zero 
(0) value (down position). Switch 66 is normally set in the 
up position to permit data from logic 60, and from circuits 
62 and 64 if present, to be output from generator 20 to 
encoder 22 (FIG. 1). For the 9.6 kbps and 4.8 kbps frame 
data, after the CRC bits are clocked through Switch 66, logic 
60 sets the Switch to the down position for 8 clock cycles so 
as to generate 8 all Zero tail bits. Thus for 9.6 kbps and 4.8 
kbpS data frames, the data as output to the encoder for the 
frame includes, appended after the CRC bits, the 8 tail bits. 
Similarly for the 2.4 kbps and 1.2 kbps frame data, after the 
primary traffic bits are clocked from logic 60 through Switch 
66, logic 60 sets the Switch to the down position for 8 clock 
cycles So as to again generate 8 all Zero tail bits. Thus for 2.4 
kbpS and 1.2 kbps data frames, the data as output to the 
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10 
encoder for the frame includes appended after the primary 
traffic bits, the 8 tail bits. 

FIGS. 4a-4e illustrate in a series of flow charts the 
operation of microprocessor 18, and generator 20 in assem 
bling the data into the disclosed frame format. It should be 
noted that various Schemes may be implemented for giving 
the various traffic types and rates priority for transmission. 
In an exemplary implementation, when a signaling traffic 
message is to be sent when there is vocoder data present a 
dim and burst format may be selected. Microprocessor 18 
may generate a command to Vocoder 16 for the Vocoder to 
encode Speech Sample frames at the half rate, regardless of 
the rate at which the vocoder would have otherwise nor 
mally encoded the sample frame. Microprocessor 18 then 
assembles the half rate Vocoder data with the Signaling traffic 
into the 9.6 kbps frame as illustrated in FIG.2b. In this case, 
a limit may be placed on the number of Speech frames 
encoded at the half rate to avoid degradation in the Speech 
quality. In the alternative, microprocessor 18 may wait until 
a half rate frame of Vocoder data is received before assem 
bling the data into the dim and burst format. In this case, 
in order to ensure timely transmission of the Signaling data, 
a maximum limit on the number of consecutive frames at 
other than half rate may be imposed before a command is 
Sent to the Vocoder to encode at half rate. Secondary traffic 
may be transferred in the “dim and burst format (FIG.2c) 
in a similar manner. 

Similar is the case for the “blank and burst data formats 
as illustrated in FIG.2e. The vocoder may be commanded to 
not encode the frame of Speech Samples or the Vocoder data 
is ignored by the microprocessor in constructing the data 
frame. Prioritizing between generating frame formats of 
primary traffic at various rates, dim and burst traffic, and 
blank and burst traffic is open to many possibilities. 
Referring back to FIG. 1, 20 msec. frames of 9.6 kbps, 4.8 

kbps, 2.4 kbps and 1.2 kbps data are thus output from 
generator 20 to encoder 22. In the exemplary embodiment 
encoder 22 is preferably a convolutional encoder, a type of 
encoder well known in the art. Encoder 22 preferably 
encodes the data using a rate /3, constraint length k=9 
convolutional code. As an example encoder 22 is con 
Structed with generator functions of go=557(octal), g=663 
(octal) and g =711 (octal). AS is well known in the art, 
convolutional encoding involves the modulo-2 addition of 
Selected taps of a Serially time-shifted delayed data 
Sequence. The length of the data Sequence delay is equal to 
k-1, where k is the code constraint length. Since in the 
preferred embodiment a rate /3 code is used, three code 
Symbols, the code symbols (co), (c) and (c), are generated 
for each data bit input to the encoder. The code Symbols (co), 
(c) and (c) are respectively generated by the generator 
functions go, g, and g2. The code symbols are output from 
encoder 22 to block interleaver 24. The output code symbols 
are provided to interleaver 24 in the order of the code 
Symbol (co) being first, the code symbol (c) being Second 
and the code symbol (c) being last. The State of the encoder 
22, upon initialization, is the all-Zero State. Furthermore, the 
use of tail bits at the end of each frame provides a resetting 
of encoder 22 to an all-Zero State. 
The symbols output from encoder 22 are provided to 

block interleaver 24 which under the control of micropro 
ceSSor 18 provides a code Symbol repetition. Using a con 
ventional random access memory (RAM) with the symbols 
Stored therein as addressed by microprocessor 18, code 
Symbols may be Stored in a manner to achieve a code Symbol 
repetition rate that varies with the data channel. 

In a more expedient and preferred implementation the 
microprocessor 18 need not be burdened with data inter 
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leaver control responsibility. In the preferred implementa 
tion microprocessor 18 only needs to provide the rate 
information signals along with the frame data to encoder 22. 
Using the rate information, encoder 22 controls the rate at 
which encoder Symbols are generated. Interleaver 24 
includes logic which internally addresses the memory loca 
tions at a constant rate. Encoder 22 encodes data at less than 
full rate and at a slower rate Such that the encoded Symbols 
are Stored in multiple locations in interleaver 24. 

In either implementation, code Symbols are not repeated 
for the 9.6 kbps data rate. Each code symbol at the 4.8 kbps 
data rate is repeated 1 time, i.e. each Symbol occurs 2 times. 
Each code symbol at the 2.4 kbps data rate is repeated 3 
times, i.e. each Symbol occurs 4 times. Each code Symbol at 
the 1.2 kbps data rate is repeated 7 times, i.e. each Symbol 
occurs 8 times. For all data rates (9.6, 4.8, 2.4 and 1.2 kbps), 
the code repetition results in a constant code symbol rate of 
28,800 code symbols per second for the data as output from 
interleaver 24. On the reverse traffic channel the repeated 
code symbols are not transmitted multiple times with all but 
one of the code symbol repetitions deleted prior to actual 
transmission due to the variable transmission duty cycle as 
discussed in further detail below. It should be understood 
that the use of code Symbol repetition is an expedient 
method for describing the operation of the interleaver and a 
data burst randomizer as discussed in further detail below. It 
should be further understood that implementations other 
than those that use code Symbol repetition may be readily 
devised to achieve the same result and remain within the 
teaching of the present invention. 

All code symbols to be transmitted on the reverse traffic 
channel and the acceSS channel are interleaved prior to 
modulation and transmission. Block interleaver 24, con 
Structed as is well known in the art, provides an output of the 
code symbols over a time period Spanning 20 mSec. The 
interleaver Structure is typically a rectangular array with 32 
rows and 18 columns, i.e. 576 cells. Code symbols are 
written into the interleaver 24 by columns, with repetition 
for data at the 4.8, 2.4 and 1.2 kbps rate, So as to completely 
fill the 32 by 18 matrix. FIGS. 5a–5d illustrate the ordering 
of write operations of original and repeated code Symbols 
into the interleaver array for transmission data rates of 9.6, 
4.8, 2.4 and 1.2 kbps, respectively. 

Reverse traffic channel code symbols are output from the 
interleaver by rows. Microprocessor 18 also controls the 
addressing of the interleaver memory for outputting the 
Symbols in the appropriate order. Again, in an alternate and 
preferred implementation microprocessor 18 is relieved 
from interleaver addressing responsibilities. In this imple 
mentation the interleaver again uses the internal addressing 
logic to provide an output of the Stored Symbols in the 
appropriate order. The interleaver Stored Symbols are pref 
erably output in the following row order: 
At 9.6 kbps: 

1 2 3 4 5 6 789 10 11 12 13 14 15 16 17 1819 20 21 
22 23 24 25 26 27 28 29 3031. 32 

At 4.8 kbps: 
13 2 4 5 7 6 89 11 1 0 12 13 15 14 16 17 1918 20 21 
23 22 24 25 27 26 28 29 31 30 32 

At 2.4 kbps: 
15 2 63 748 9 13 10 14 11 15 12 16 17 21, 1822 19 
23 20 24 25 29 26 30 2731, 2832 

At 1.2 kbps: 
19 2 103 114 125 13 614 7 158 16 1725 1826 19 
27 20 28 21 29 2230 23 31 24 32. 

AcceSS channel code Symbols are also output from inter 
leaver 24 by rows in the appropriate order using the tech 
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12 
niques discussed above. The interleaver Stored symbols are 
output in the following row order at the 4.8 kbps rate for the 
acceSS channel code Symbols: 
1179 255 21 13 293 19 1127 723 1531, 2, 1810 26 

6 22, 1430 4 2012. 288 24 1632. 
It should be noted that other encoding rates, Such as a rate 

% convolutional code used on the forward transmission 
channel, along with various other Symbol interleaving for 
mats may be readily devised using the basic teaching of the 
present invention. 

Referring again to FIG. 1, the interleaved code symbols 
are output from interleaver 24 to modulator 26. In the 
preferred embodiment, modulation for the Reverse CDMA 
Channel uses 64-ary orthogonal Signaling. That is, one of 64 
possible modulation Symbols is transmitted for each Six code 
symbols. The 64-ary modulation symbol is one of 64 
orthogonal waveforms generated preferably using Walsh 
functions. These modulation symbols are given in FIGS. 6a, 
6b, and 6c, and are numbered 0 through 63. The modulation 
Symbols are Selected according to the following formula: 

Modulation symbol number=co-2c1+4c2+8c +16c-32cs (3) 

where Cs shall represent the last or most recent and co the 
first or oldest binary valued ('0' and '1') code symbol of each 
group of Six code Symbols that form a modulation Symbol. 
The period of time required to transmit a Single modulation 
symbol is referred to as a “Walsh symbol interval and is 
approximately equal to 208.333 ms. The period of time 
associated with one-sixty-fourth of the modulation symbol is 
referred to as a Walsh chip and is approximately equal to 
3.255.208.3333. . . ms. 

Each modulation or Walsh symbol is output from modu 
lator 26 to one input of a modulo-2 adder, exclusive-OR gate 
28. The Walsh symbols are output from modulator 26 at a 
4,800 sps rate which corresponds to a Walsh chip rate of 
3.07.2 kcps. The other input to gate 28 is provided from long 
code generator 30 which generates a pseudo-noise or 
pseudo-random (PN) code, referred to as the long code 
Sequence, in cooperation with mask circuit 32. The long 
code Sequence provided from generator 30 is at a chip rate 
four times the Walsh chip rate of modulator 26, i.e. a PN chip 
rate 1.2288 Mcps. Gate 28 combines the two input signals to 
provide an output of Spread data at the chip rate of 1.2288 
Mcps. 
The long code Sequence is a time shift of a Sequence of 

length 2'-1 chips and is generated by a linear generator 
well known in the art using the following polynomial: 

1716 
(4) 

FIG. 7 illustrates generator 30 in further detail. Generator 
30 is comprised of sequence generator section 70 and 
masking Section 72. Section 70 is comprised of a Sequence 
of shift registers and modulo-2 adders (typically exclusive 
OR gates) coupled together to generate a 42-bit state vari 
ables according to equation 4. The 42-bit State variables 
output from section 70 are provided to section 72 along with 
a 42-bit wide mask provided from mask circuit 32. 

Section 72 is comprised of a series of input AND gates 
74–74 having one input for receiving a respective one of 
the 42 state variable bits. The other input of each of AND 
gates 74–74 receives a respective one of the 42 mask 
bits. The output of AND gates 741-74 are then modulo-2 
added by adder 76 so as to form a single bit output from 
section 72 for each 1.2288 Mhz clocking of the shift 
registers of section 70. Adder 76 is typically constructed as 
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a cascaded arrangement of exclusive-OR gates as is well 
known in the art. Therefore, the actual output PN sequence 
U PN SEQ is generated by the modulo-2 addition of the 
masked output bits of section 70. 
The mask used for the PN spreading varies depending on 

the channel type on which the mobile Station is communi 
cating. Referring back to FIG. 1, initialization information is 
provided from microprocessor 18 to generator 30 and circuit 
32. Generator 30 is responsive to the initialization informa 
tion for initialization of the circuitry. Circuit 32 is also 
responsive to the initialization information, which also indi 
cates the type of mask to be provided by circuit 32 to 
generator 30. AS Such, mask circuit 32 may be configured as 
a memory which contains a 42-bit mask for each commu 
nication channel type. FIGS. 8a–8c provide an exemplary 
definition of the masking bits for each channel type. 

Specifically, when communicating on the access channel, 
the mask is defined as illustrated in FIG. 8a. In the access 
channel mask, mask bits Mo through M., are mask header 
bits, mask bits M through Ms are bits indicative of the 
access channel number (ACN); mask bits M through M. 
are bits indicative of the code channel for the associated 
paging channel, i.e., paging channel number (PCN), with the 
range typically being 1 through 7; mask bits Mothrough Mo 
are bits indicative of the registration Zone (REG ZONE); 
and mask bits Mo through Ms are bits indicative of the pilot 
PN offset (PILOT PN) for the current base station. 
When communicating on the reverse traffic channel, the 

mask is defined as illustrated in FIGS. 8b and 8c. The mobile 
Station uses one of two long codes unique to that mobile 
Station: a public long code which is a function of the mobile 
Station's electronic Serial number (ESN), and a private long 
code unique for each mobile identification number (MIN) 
which is typically the telephone number of the mobile 
Station. 

In the public long code, FIG. 8b, mask bits M through 
M, are header bits; and mask bits Mo through M31, are bits 
set as a one-to-one function of the mobile station ESN. Thus 
these bits may either directly correspond to the ESN or a 
permuted version thereof. In the private long code the mask 
bits Mao through M41, are header bits; and mask bits Mo 
through Mo correspond to bits set according to a predeter 
mined assignment Scheme. 

It is envisioned that the private long code be implemented 
as illustrated in FIG. 8c, although other masking codes may 
be generated. The private long code will provide additional 
Security to the data transmissions in that it will only be 
known to the base station and the mobile station. The private 
long code preferably will not be transmitted over the trans 
mission medium. 

Referring back to FIG. 1 the output of gate 28 is respec 
tively provided as one input to each one of a pair of 
modulo-2 adders, exclusive-OR gates 34 and 36. The other 
input to each of gates 34 and 36 are respectively Second and 
third PN sequences, I and Q channel short codes, respec 
tively generated by I and Q Channel PN generators 38 and 
40. The reverse access channel and reverse traffic channel is 
therefore offset quadrature phase shift key (OQPSK) spread 
prior to actual transmission. This offset quadrature spreading 
on the reverse channel uses the same I and O PN codes as 
are used in the cell base Station to mobile Station 
communication, i.e. the forward channel. 

The I and QPN codes generated by generators 38 and 40 
are of length 2" and are preferably zero-time offset codes 
with respect to the forward channel. For purposes of further 
understanding, on the forward channel a pilot signal is 
generated for each base Station. Each base Station pilot 
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14 
channel signal is spread by the I and Q PN codes as 
described with respect to the mobile station. The I and QPN 
codes of a base Station are together offset from those of 
another base Station. By shifting both code Sequences trans 
missions by different base Stations may be distinguished. 
The generating functions for the I and Q short PN codes are 
be as follows: 

and 

12, -11 

Generators 38 and 40 may be constructed So as to provide an 
output sequence in accordance with equations (5) and (6). 
The I and Q waveforms are output from gates 34 and 36 

and provided as inputs to finite impulse response (FIR) 
filters 42 and 44. FIR filters 42 and 44 are digital filters 
which bandlimit the resulting I and Q waveforms. These 
digital filters shape the I and Q waveforms such that the 
resulting spectrum is contained within a given frequency 
Spectrum. The digital filters preferably have the impulse 
response shown in Table II below. 

Filters 42 and 44 may be constructed according to well 
known digital filter techniques and preferably provide a 
frequency response as illustrated in FIG. 9. However exem 
plary preferred implementations of filters 42 and 44 are 
described later herein. 

TABLE II 

h(0) = -0.025288.315 = h(47) 
h(1) = -O.O34167931 = h(46) 
h(2) = -O.O.35752323 = h(45) 
h(3) = -O.O1673.37O2 = h(44) 
h(4) = 0.021602514 = h(43) 
h(5) = O.O649.38487 = h(42) 
h(6) = O.O910O2137 = h(41) 
h(7) = O.O81894974 = h(40) 
h(8) = O.O37O71157 = h(39) 
h(9) = -O.O21998O74 = h(38) 

h(10) = -O.O60716277 = h(37) 
h(11) = -O.O51178658 = h(36) 
h(12) = O.OO7874526 = h(35) 
h(13) = O.O84368728 = h(34) 
h(14) = O.1268.693.06 = h(33) 
h(15) = O.O94528345 = h(32) 
h(16) = -O.O12839661 = h(31) 
h(17) = -0.143477O28 = h(30) 
h(18) = -O.211829088 = h(29) 
h(19) = -0.140513128 = h(28) 
h(20) = O.O946O1918 = h(27) 
h(21) = O.441.38714O = h(26) 
h(22) = O.78587564O = h(25) 
h(23) = 1.O = h(24) 

The binary '0' and 1 inputs to digital filters 42 and 44, 
generated by the NSpreading functions, are mapped into +1 
and -1, respectively. The Sampling frequency of the digital 
filter is 4.9152 Mhz =4x1.2288 Mhz. An additional binary 
0 and '1' input sequence synchronous with the I and Q 
digital waveforms are provided to each of digital filters 42 
and 44. This particular Sequence, referred to as a masking 
Sequence, is the output generated by a data burst randomizer. 
The masking Sequence multiplies the I and Q binary wave 
forms to produce a ternary input of (-1, 0, and +1) to digital 
filters 42 and 44. 
AS discussed previously the data rate for transmission on 

the reverse traffic channel is at one of the rates of 9.6, 4.8, 
2.4, or 1.2 kbps and varies on a frame-by-frame basis. Since 
the frames are of a fixed 20 msec. length for both the access 
channel and the reverse traffic channel, the number of 
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information bits per frame shall be 192, 96, 48, or 24 for 
transmission at data rates of 9.6, 4.8, 2.4, or 1.2 kbps, 
respectively. AS described previously, the information is 
encoded using a rate /3 convolutional encoder. The code 
Symbols are repeated to provide a constant code Symbol rate 
of 28,800 symbols per second (sps). This 28,800 sps stream 
is block interleaved as previously described. 

Prior to transmission, the Reverse Traffic Channel inter 
leaver output Stream is gated with a time filter that allows 
transmission of certain interleaver output Symbols and dele 
tion of others. The duty cycle of the transmission gate thus 
varies with the transmit data rate. When the transmit data 
rate is 9.6 kbps, the transmission gate allows all interleaver 
output symbols to be transmitted. When the transmit data 
rate is 4.8 kbps, the transmission gate allows one-half of the 
interleaver output Symbols to be transmitted, and So forth. 
The gating process operates by dividing the 20 mSec. frame 
into 16 equal length (i.e., 1.25 mSec.) periods, called power 
control groups. Certain power control groups are gated on 
(i.e., transmitted), while other groups are gated off (i.e., not 
transmitted). 

The assignment of gated-on and gated-off groups is 
referred to as a data burst randomizer function. The gated-on 
power control groups are pseudo-randomized in their posi 
tions within the frame So that the actual traffic load on the 
reverse CDMA channel is averaged, assuming a random 
distribution of the frames for each duty cycle. The gated-on 
power control groups are Such that every code Symbol input 
to the repetition process Shall be transmitted once. During 
the gated-off periods, the mobile Station does not transmit 
energy, thus reducing the interference to other mobile Sta 
tions operating on the same reverse CDMA channel. This 
Symbol gating occurs prior to transmission filtering. 

The transmission gating process is not used when the 
mobile Station transmits on the access channel. When trans 
mitting on the access channel, the code symbols are repeated 
once (each Symbol occurs twice) prior to transmission. 

In the implementation of the data burst randomizer 
function, data burst randomizer logic 46 generates a mask 
ing Stream of 0s and 1's that randomly masks out the 
redundant data generated by the code repetition. The mask 
ing Stream pattern is determined by the frame data rate and 
by a block of 14 bits taken from the long code Sequence 
generated by generator 30. These mask bits are Synchronized 
with the data flow and the data is selectively masked by 
these bits through the operation of the digital filters 42 and 
42. Within logic 46 the last 14 bits occurring in the next 
to-last power control group of each reverse traffic channel 
frame boundary are Stored. Logic 46 uses this data along 
with the rate input from microprocessor 18, to determine, 
according to a predetermined algorithm, the particular 
power control groups in which the data is to be allowed to 
pass through filters 42 and 42 for transmission. Logic 46 
thus outputs for each power control group a '1' or '0' for the 
entire power control group depending on whether the data is 
to be filtered out or passed through. At the corresponding 
receiver, which also uses the same long code Sequence and 
a corresponding rate determined for the frame, logic is 
provided which determines the appropriate power control 
groups in which the data is present. 

The 14 bits of the long code Sequence Stored in logic 46 
used in determining the power control groups in which data 
is present for transmission is identified as follows: 

bo b b ba b bs b b 7 bs bo bio b11 b12 b13, 
where bo represents the oldest generated bit in the 14-bit 
Sequence, and b represents the most recently generated bit 
in the 14-bit Sequence. 
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Each 20 msec. reverse traffic channel frame is divided into 

16 equal length (i.e., 1.25 mSec.) power control groups 
numbered from 0 to 15 as shown in FIGS. 10a–10a. Data 
burst randomizer logic 46 implements an algorithm which 
permits data to be transmitted for the various power control 
groups for the various rates. It should be noted that in order 
to randomize the position of the data within the transmission 
frame, only 8 bits are necessary. However as disclosed 
herein, 14-bits are used to assure that the slot position within 
the frame (power control group) for data transmission at 
quarter rate is a Subset of the slots (power control groups) 
used at the half rate and that the slots used for data 
transmission at eighth rate is a Subset of the slots used at the 
quarter rate. 

FIG. 10e illustrates that the 14 bits from the masked long 
code that are stored correspond to the last 14 bits of the 15th 
power control group (PCG14) of the 16 power control group 
of the preceding frame. The 15th power control group is 
used to provide Sufficient time to determine the power 
control groups in which data is transmitted in the following 
frame. However it should be understood that any predeter 
mined bits of PN data could be used in determining the 
power control groups of the current frame for data trans 
mission. Although it is desirable to use the long code 
Sequence in determining the power control groups in which 
data transmission is to occur, Since this sequence is also used 
at the receiver for PN, other deterministic sequences may be 
used for power control group determination. In this instance 
any other deterministic Sequence may be used which is also 
know by the receiver. Thus the Sequence used in computing 
the power control groups may be independent of the 
Sequence used to PN spread the user data. 
AS illustrated in FIGS. 10a–10d within the 1.25 mSec. 

time period of each transmitted power control group within 
the frame there are 12 data bits encoded as 36 code symbols 
which are in turn encoded as 6 Walsh symbols. With each 
Walsh symbol represented by 64 Walsh chips there are 384 
Walsh chips within the 1.25 msec. time period. Since there 
are 4 PN chips for every Walsh chip, each transmitted power 
control group is comprised of data modulated by 1536 PN 
chips. 

For full rate data, data is transmitted in each power control 
group. However, for rates less than full rate, the value of the 
Selected bits bo-ba is used to determine the power control 
groups in which data is transmitted. The power control 
groupS used for transmission for the various rates are as 
follows: 
Data Rate Selected-Full Rate 

Transmission shall occur on power control groups num 
bered: 

0,1,2,3,4,5,6,7,8,9,10,11,12,13,14,15. 
Data Rate Selected-Half Rate 

Transmission shall occur on eight power control groups 
numbered: 

bo, 2+b, 4+b, 6+b, 8+b, 10+bs, 12+b, and 14+b7. 
Data Rate Selected-Quarter Rate 

Transmission shall occur on four power control groups 
numbered: 

bo if b =0 or 2+b if b-1; 
4+b if bo-0 or 6+b if be-1, 
8+b if bio-0 or 10+bs if bio-1; and 
12+b if (b=0 or 14+b, if b =1. 

Data Rate Selected-One-Eighth Rate 
Transmission shall occur on two power control groups 

numbered: 

bo if (bs=0 and b =0), or 2+b if (bs=1 and b=0 or 
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4+b if (bo=0 and b =1), or 6+b if (bo=1 and b=1); and 
8+b if (bo=0 and b-0), or 10+bs if (bo=1 and b-0) 
12+b if (b=0 and b-1), or 14+b, if (b=1 and b =1). 
FIGS. 10a–10a, in conjunction with FIG. 10e, illustrate 

by example the power control groupS. Selected for the 
various rates for an exemplary bo-ba bit sequence. It 
should be understood that Since data for each frame is 
transmitted at only one rate in the actual implementation, 
data would be transmitted according to only one of FIGS. 
10a–10a for the particular frame. In the example illustrated 
in FIGS. 10a–10e, an exemplary bobbit sequence of (0, 
0, 1, 0, 1, 1, 0, 1, 1, 0, 0, 1, 0, 0) is used. Using the algorithms 
set forth above for each data rate, data would be transmitted 
in the power control groups shaded for the corresponding 
transmission rate. As can be seen in FIGS. 10b-10d, the 
Selected power control groups of the lower rates are Subsets 
of Selected power control groups of higher rates. The use of 
Subsets provides for ease in decoding of the frame for each 
of the various rates. 

Logic 46 also generates an output TX PUNCT signal to 
the RF transmitter circuit 58. This signal is used to turn on 
the transmitter power amplifier for power control groups that 
are to be transmitted and off for power control groups that 
are not transmitted. This control over the power amplifier 
provides a reduction in power consumption by the 
transmitter, which is particularly important in portable units. 
Further details of data burst randomizer logic 46 are pro 
vided in U.S. patent application Ser. No. 08/291,231, now 
U.S. Pat. No. 5,535,239, entitled “DATA BURST 
RANDOMIZER,” which is assigned to the assignee of the 
present invention and which is incorporated herein by ref 
CCCC. 

II. Interference Reduction Techniques 
In the data burst randomizer described above, the gated 

on power control groups are pseudo-randomized in their 
positions within the frame, Spreading the burst-induced AM 
interference over a relatively wide bandwidth. The present 
invention contemplates a number of techniques for reducing 
the interference experienced by users of CDMA communi 
cation devices. In the present invention, interference arising 
from variable-rate transmission is effectively eliminated by 
configuring the transmitter of an authorized CDMA com 
munication unit to transmit RF energy Substantially continu 
ously at a full-rate power level, irrespective of the instan 
taneous level of user Speech or data activity. This continuous 
transmission is accomplished by the communication unit 
transmitting only full rate frames. As a consequence, the 
type of AM interference nominally accompanying the trans 
mission of variable-rate data by a CDMA transmitter is 
Substantially eliminated. 

FIG. 11 illustrates selected portions of a CDMA commu 
nication System capable of operating in the reduced inter 
ference mode of the present invention. Communication unit 
1101 is shown to be in communication with base station 
1104, which is controlled by base station controller (BSC) 
1100. BSC 1100 contains a home location register (HLR) 
database 1102 containing the account profiles of all Sub 
scribers in the service area controlled by BSC 1100. Base 
station 1104 radiates RF signals through antenna 1106 to 
communication unit 1101 on the forward link 1110. Base 
station 1104 also receives RF signals, through antenna 1108, 
which have been transmitted by communication unit 1101 
over reverse link 1112. 

The present invention is believed to be of particular 
benefit to hearing impaired users of digital communications 

15 

25 

35 

40 

45 

50 

55 

60 

65 

18 
devices. Since Such users will often be reliant upon elec 
tronic hearing aids, the reduced interference levels associ 
ated with operation in accordance with the invention mini 
mizes any impact upon hearing aid operation. In order to 
manage System capacity, a number of authorization Schemes 
may be instituted as a means of ensuring that only those 
CDMA communication units 1101 associated with selected 
eligible users (e.g., hearing impaired users) are permitted to 
engage in the type of reduced interference transmission 
contemplated by the invention. 

For example, only eligible hearing impaired users could 
be allowed to purchase CDMA communication units 1101 
pre-authorized for operation in a reduced interference mode. 
Alternately, eligible hearing impaired users could obtain 
authorization from their cellular Service provider after pur 
chase of a CDMA communication unit 1101 capable of 
reduced interference mode operation. The authorization 
information may conveniently reside with the rest of the 
subscriber's account profile in the Subscriber's home loca 
tion register (HLR) 1102. 
Once authorized, the reduced interference mode could be 

activated in a number of ways. For example, the user may 
activate the reduced interference mode through user inter 
face 1120, which may comprise a keypad and associated 
circuitry as is known in the art. In Such a case, the user would 
enter a predetermined activation Sequence through user 
interface 1120, which would provide a reduced interference 
mode activation signal to microprocessor 18. In response, 
microprocessor 18 would then configure communication 
unit 1101 for operation in the reduced interference mode. 
Deactivation of the reduced as interference mode could be 
accomplished in a similar fashion. In this example, the user 
would be able to activate and deactivate the reduced inter 
ference mode at will. 

For even greater Security, the reduced interference mode 
may be activated and deactivated through dataport 1122 by 
the subscriber's service provider. Typically, this would 
involve connecting the communication unit 1101 to a pro 
gramming station, Such as a computer (not shown). In Such 
a case, the reduced interference mode activation signal 
generated by the computer would be passed from dataport 
1122 to microprocessor 18 over transmission line 310, and 
microprocessor 18 would then configure communication 
unit 1101 for reduced interference mode operation. 
Optionally, a Service programming code could be required to 
activate the reduced interference mode over dataport 1122 in 
order to prevent unauthorized activation. 

In yet another activation technique, authorized commu 
nication units 1101 could request and receive over-the-air 
activation from the cellular service provider operating BSC 
1100. In this case, the user would enter an appropriate 
request Sequence into user interface 1120. In response, 
microprocessor 18 would generate appropriate Signaling 
bits, multiplex them into a frame, and pass the frame to 
transmitter 1118 for transmission over reverse link 1112 to 
base station 1104. Base station 1104 would then pass the 
request to BSC 1100 which would verify authorization in the 
subscriber's HLR 1102. Upon appropriate authorization, 
base station 1104 would then transmit a reduced interference 
mode activation signal to communication unit 1101. The 
reduced interference mode activation signal transmitted by 
base station 1104 would be received by antenna 60 and 
passed to receiver 1116 by duplexer 1114. Receiver 1116 
would demodulate and decode the activation signal and pass 
it to microprocessor 18. In response, microprocessor 18 
would then configure communication unit 1101 for opera 
tion in the reduced interference mode. Additionally, when 
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"roving outside of a home Service area, the communication 
unit 1101 could be permitted several unauthorized uses (e.g., 
calls) in the Visited Service area pending receipt of authori 
zation from the home service area HLR 1102. 

Communication unit 1101 may be configured for reduced 
interference mode operation by microprocessor 18 in 
response to the reduced interference mode activation signal 
generated by any of the above techniques. It should be noted 
that the above described techniques are merely exemplary, 
and other activation techniques may be used. 

Once the reduced interference mode is activated, com 
munication unit 1101 is ready to operate in reduced inter 
ference mode. To do So, microprocessor 18 generates a 
Signaling message which is transmitted to base Station 1104 
indicating the communication unit's 1101 intention to trans 
mit in a reduced interference mode. This message may be 
transmitted, for example, during initial registration with base 
Station 1104, or in an origination message from the com 
munication unit 1101 indicating its attempt to originate a 
call, or alternatively in a page response message from the 
communication unit 1101, responding to an incoming page 
from base Station 1104. Specifically, this message indicates 
the intent of communication unit 1101 to transmit only full 
rate frames. ASSuming proper authorization of communica 
tion unit 1101 through HLR 1102, and sufficient system 
resources available at base Station 1104 to Support continu 
ous full-rate transmission, base station 1104 will allow the 
communication unit 1101 to send only full rate frames. 

Referring now to FIG. 1, the generation and transmission 
of full rate frames by communication unit 1101 while in the 
reduced interference mode will be described. In a first 
embodiment of the present invention, the microprocessor 18 
instructs Vocoder 16 to encode each frame of Speech Samples 
at full-rate (rate 1) upon receiving the reduced interference 
mode activation signal. In an exemplary implementation of 
the first technique, rate 1 transmission corresponds to a data 
rate from the vocoder 16 to the microprocessor of 8.55 kbps. 
As noted above, frames of 9.6 kbps are provided by gen 
erator 20 during rate 1 operation in response to the frame 
data assembled by the microprocessor 18. The encoder 22 
then encodes the 9.6 kbps data frames from the generator 20 
into code symbols without repetition. These code symbols 
are then interleaved in interleaver 24 and modulated in 
modulator 26 in the manner described above with reference 
to FIG. 1. 

When the transmit data rate is 9.6 kbps (rate 1), all 16 
power control groups within each frame are gated on (i.e., 
transmitted). As a result of this continuous signal transmis 
Sion at a full rate, the AM interference nominally associated 
with transmission of variable rate Vocoded speech is Sub 
Stantially eliminated. Optionally, this technique of forcing 
the vocoder 16 to full-rate operation could be invoked only 
when the transmit power transmitter 56 exceeded a prede 
termined threshold, for example 50 mW. In a CDMA system 
with power control, Such a case would normally only occur 
when the user is near the edge of a base Station's cell. AS 
Such, the forced full-rate method would have a negligible 
impact on System capacity due to the relatively infrequency 
that it would be invoked. Furthermore, invoking the forced 
full-rate only above a predetermined transmit power level 
would also preserve battery life in portable communication 
devices employing the present invention. 

In a Second embodiment of the present invention, repeti 
tions of non-full rate encoded speech or other data are 
generated in order to fill the full-rate frame. In the case of 
Voice data, Vocoder 16 continues to operate at a variable rate, 
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and microprocessor 18 continues to provide repetition of the 
power control groups for the half, quarter, and eighth rates 
as described above. However, the microprocessor 18 
instructs data burst randomizer logic 46 to refrain from 
masking out the redundant power control groups, and trans 
mitter 56 remains gated on for all the power control groups 
of each frame, in response to the reduced interference mode 
request. Similarly, microprocessor 18 would generate rep 
etitions of any non-full rate non-vocoder data provided to 
over data transmission line 310, and instruct data burst 
randomizer logic 46 to refrain from masking out the redun 
dant power control groups. In each case, microprocessor 18 
would instruct transmitter 56 to transmit each frame at a 
full-rate power level, irrespective of the number of repeated 
versions of the data. Since the CDMA communication unit 
thus transmits RF energy Substantially continuously at a full 
rate power level over the entirety of each frame, notwith 
Standing the data rate, it fails to produce the type of AM 
interference normally associated with the transmission of 
variable rate encoded speech and other data. 

In a third and preferred embodiment of the present 
invention, full-rate frames are generated by microprocessor 
18 by “padding” the frame as necessary with a predeter 
mined Sequence of bits. In the case of Speech data, Vocoder 
16 continues to generate variable rate Speech data packets as 
determined by the level of user speech activity. However, 
microprocessor 18 builds only full-rate frames by adding 
Signaling traffic bits consisting of a predetermined bit 
Sequence as necessary to pad the frame to a full-rate format. 
Alternatively, microprocessor 18 could use a predetermined 
Sequence of Secondary traffic bits as necessary to pad the 
frame to a full rate format. AS in the case of the previously 
described embodiments, the microprocessor 18 may be 
configured to enter this constant full-rate mode only when 
the transmit power of transmitter 56 exceeds a predeter 
mined threshold, for example, 50 mW. 

In this third embodiment, during traffic channel operation 
the microprocessor 18 ensures that only full-rate frames are 
transmitted. When building each reverse traffic channel 
frame, if Sufficient bits are not available either from the 
active service option(s), Such as speech or data, or the 
Signaling layer, or both, then the microprocessor 18 gener 
ates filler Signaling traffic consisting of a predetermined 
pattern of bits in order to pad out the full rate frame. The 
preferred predetermined pattern of bits is all Zero bits. 
However, the predetermined pattern of bits could also either 
be all “ones’,or an alternating pattern of ones and Zeros, or 
even a random Sequence of bits. 
AS an example, if only the 8 kbps. Speech Service option 

is active (i.e. there is no Secondary data traffic being passed 
to microprocessor 18 over transmission line 310), and the 
level of speech activity is low enough that the vocoder 16 
produces a half-rate Speech packet, microprocessor 18 
would use the multiplex option format shown in FIG. 2b, 
“Dim and Burst with Rate % Primary and Signaling Traffic' 
to build a full rate frame. The frame would consist of the 80 
primary traffic bits comprising the half rate speech packet 
from vocoder 16, as many of the 88 signaling traffic bits as 
are needed to accomplish any conventional Signaling, and 
the remainder of the 88 signaling traffic bits would all be set 
to Zero. Likewise, for quarter-rate and eighth-rate speech 
packets, illustrated in FIGS. 2c and 2d respectively, micro 
processor 18 would build frames consisting of 40 primary 
traffic bits and 16 primary traffic bits respectively, and the 
remainder of unused 128 or 152 signaling traffic bits 
respectively, would be set to Zero. Again, it should be noted 
that the present invention is also applicable to other multi 
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plex formats using different numbers of total bits per frame, 
for example, the 14.4 kbps multiplex format of ANSI 
J-STD-008 entitled “Personal Station-Base Station Com 
patibility Requirements for 1.8 to 2.0 Ghz Code Division 
Multiple Access (CDMA) Personal Communications Sys 
tems.’ 

During traffic channel operation, if base station 1104 (See 
FIG. 11) receives a reverse traffic channel frame containing 
Signaling traffic which consists of all Zero bits and which 
does not form any part of a Signaling message, the base 
station 1104 recognizes that the communication unit 1101 is 
operating in reduced interference mode and discards the 
Signaling traffic. So in the rate % example above, when the 
base station 1104 receives the frame transmitted by the 
communication unit 1101, the base station 1104 extracts the 
80 bits of primary traffic (i.e., the half-rate speech and/or 
data packet), and processes them normally. However, then 
the base Station 1104 examines the remaining bits of Sig 
naling traffic and, because they are all Zero, discards them 
without further processing. Alternatively, the base Station 
1104, instead of examining each bit of the Signaling traffic to 
determine if they are all Zero, could examine the first N bits 
of the signaling traffic, where N is the minimum number of 
bits required to determine whether the Signaling traffic is the 
Start of a new signaling message. If these N bits were all 
Zero, and the frame is not part of a reverse traffic channel 
message that began in an earlier frame, then the base Station 
1104 would discard the Signaling bits as padding. In a 
system according to IS-95, N would equal eight bits. 
An advantage to this third embodiment is that altering the 

multiplexing Scheme in order to produce full-rate frames 
accommodates both Vocoder and non-vocoder data as pri 
mary traffic. AS Such, this third embodiment Supports data, 
fax, packet, and Simultaneous voice and data Service 
options. Additionally, this third embodiment allows the base 
station 1104 to easily detect when a communication unit 
1101 is operating in the reduced interference mode by 
monitoring the reverse link for full rate frames that contain 
Signaling traffic consisting of the predetermined unique 
pattern of bits. If an unauthorized communication unit 1101 
transmits Such frames, the base Station 1104 can take appro 
priate action, Such as releasing the call. 

The previous description of the preferred embodiments is 
provided to enable any person skilled in the art to make or 
use the present invention. The various modifications to these 
embodiments will be readily apparent to those skilled in the 
art, and the generic principles defined herein may be applied 
to other embodiments without the use of the inventive 
faculty. Thus, the present invention is not intended to be 
limited to the embodiments shown herein but is to be 
accorded the widest Scope consistent with the principles and 
novel features disclosed herein. 
We claim: 
1. A System for reducing interference generated by a 

communication device which transmits data at a variable 
rate and varies transmit power in response to Said variable 
rate, Said System comprising: 
means for directing Said communication device to continu 
ously transmit RF energy at a full rate power level irrespec 
tive of said variable rate when said full rate power level 
exceeds a predetermined threshold; and 

means, in Said communication device and responsive to 
Said means for directing, for transmitting RF energy 
continuously at Said full rate power level irrespective of 
Said variable rate, whereby Said interference is reduced 
proximate Said communication device due to continu 
ouS transmission thereby at Said full rate power level. 
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2. The System of claim 1 wherein Said means for trans 

mitting comprises: 
a variable rate Vocoder; 
a controller for instructing Said variable rate Vocoder to 

encode Voice data at a full rate; and 
a transmitter for transmitting Said full rate encoded data at 

said full-rate power level. 
3. The system of claim 1 wherein said means for trans 

mitting comprises: 
a controller having an input for receiving variable rate 

data, Said controller generating full rate frames of data 
comprising repeated versions of Said variable rate data; 
and 

a transmitter for transmitting Said full rate frames at Said 
full rate power level. 

4. The System of claim 1 wherein Said communication 
device nominally transmits non-full frames of data contain 
ing a variable number of bits in response to Said variable 
rate, and wherein Said means for transmitting comprises: 

a controller for generating full frames of data containing 
a fixed number of bits irrespective of said variable rate; 
and 

a transmitter for transmitting Said full frames of data at 
said full-rate power level. 

5. A method for reducing interference generated by a 
communication device which transmits data at a variable 
rate and which varies transmit power in response to Said 
variable rate, Said method comprising the Steps of: 

directing Said communication device to continuously 
transmit RF energy at a full rate power level irrespec 
tive of said variable rate when said full rate power level 
exceeds a predetermined threshold; and 

transmitting, from Said communication device and in 
response to Said directing Step, RF energy continuously 
at said full rate power level irrespective of said variable 
rate, whereby Said interference is reduced proximate 
Said communication device due to continuous trans 
mission thereby at said full rate power level. 

6. The method of claim 5 wherein said transmitting step 
further comprises the Steps of 

instructing a variable rate Vocoder in Said communication 
device to encode Voice data at a full rate, and 

transmitting Said full rate encoded data at Said full-rate 
power level. 

7. the method of claim 5 wherein said transmitting step 
further comprises the Steps of 

generating full rate frames of data comprising repeated 
Versions of Said variable rate data, and 

transmitting Said full rate frames at Said full rate power 
level. 

8. The method of claim 5 wherein said communication 
device nominally transmits non-full frames of data contain 
ing a variable number of bits in response to Said variable 
rate, and wherein Said transmitting Step further comprises 
the Steps of: 

generating full frames of data containing a fixed number 
of bits irrespective of said variable rate; and 

transmitting Said full frames of data at Said full-rate power 
level. 

9. A communication device which transmits data at a 
variable rate and which varies transmit power in response to 
Said variable rate, Said System comprising: 

a transmitter; and 
a controller for directing Said transmitter to transmit RF 

energy continuously at a full rate power level irrespec 
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tive of said variable rate when said full rate power level 
exceeds a predetermined threshold, whereby Said inter 
ference is reduced proximate Said communication 
device due to continuous transmission thereby at Said 
full rate power level. 

10. The communication device of claim 9 further com 
prising: 

a variable rate Vocoder for encoding voice data at a full 
rate. 

11. The communication device of claim 9 wherein said 
controller has an input for receiving variable rate data, Said 
controller generating full rate frames of data comprising 
repeated versions of Said variable rate data and wherein Said 
transmitter transmits Said full rate frames at Said full rate 
power level. 

12. The communication device of claim 9 wherein said 
communication device nominally transmits non-full frames 
of data containing a variable number of bits in response to 
Said variable rate, and wherein Said controller generates full 
frames of data containing a fixed number of bits irrespective 
of Said variable rate and wherein Said transmitter transmits 
said full frames of data at said full-rate power level. 

13. A base Station in a communication System in which a 
plurality of communication devices each transmits data at a 
variable rate and each which varies transmit power in 
response to its respective variable rate, Said base Station 
comprising: 
means for determining if one of Said plurality of commu 

nication devices is continuously transmitting RF 
energy at a full rate power level irrespective of a 
respective variable rate; 

means for directing a first of Said plurality of communi 
cation devices to continuously transmit RF energy at a 
full rate power level irrespective of Said variable rate, 
whereby interference is reduced proximate Said first 
communication device due to continuous transmission 
thereby; and 

means for receiving Said RF energy continuously trans 
mitted by Said first communication device. 

14. A method for reducing interference generated by a first 
of a plurality of communication devices each which trans 
mits data at a variable rate and each which varies transmit 
power in response to its respective variable rate, Said method 
comprising the Steps of: 

directing a first of Said plurality of communication 
devices to continuously transmit RF energy at a full rate 
power level irrespective of its respective variable rate 
when the full rate power level exceeds a predetermined 
threshold, whereby interference is reduced proximate 
Said first communication device due to continuous 
transmission thereby; and 

receiving Said RF energy continuously transmitted by Said 
first communication device. 

15. The method of claim 14, further comprising the step 
of: 

determining whether one of Said plurality of communi 
cation devices is continuously transmitting RF energy 
at a full rate power level irrespective of its respective 
variable rate. 

16. A System for reducing interference generated by a 
communication device which transmits data at a variable 
rate and which varies transmit power in response to Said 
variable rate, Said System comprising: 

a controller for directing Said communication device to 
continuously transmit RF energy at a full rate power 
level irrespective of said variable rate when said full 
rate power level exceeds a predetermined threshold; 
and 
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a transmitter, in Said communication device and respon 

Sive to Said controller for directing, for transmitting RF 
energy continuously at Said full rate power level irre 
Spective of Said variable rate, whereby Said interference 
is reduced proximate Said communication device due to 
continuous transmission thereby at Said full rate power 
level. 

17. A base Station in a communication System in which a 
plurality of communication devices transmits data at a 
variable rate and which varies transmit power in response to 
Said variable rate, Said base Station comprising: 

a controller for directing a first of Said plurality of 
communication devices to continuously transmit RF 
energy at a full rate power level irrespective of Said 
Variable rate when Said full rate power level exceeds a 
predetermined threshold; and 

a transmitter, in Said communication, whereby interfer 
ence is reduced proximate Said first communication 
device due to continuous transmission thereby, and 

a receiver for receiving Said RF energy continuously 
transmitted by Said first communication device. 

18. A communication device, comprising: 
a variable rate Vocoder operable at a plurality of rates 

including a full rate and at least one rate less than the 
full rate; and 

a transmitter having a power level associated with each of 
the Vocoder rates, the transmitter being configured to 
transmit data from the variable rate vocoder at the full 
rate power level irrespective of the Vocoder rate when 
Said full rate power level exceeds a predetermined 
threshold. 

19. The communication device of claim 18 wherein the 
data comprises Speech. 

20. The communication device of claim 18 wherein the 
Vocoder rate is a function of data activity provided to the 
variable rate Vocoder. 

21. The communication device of claim 18 further com 
prising a controller configured to provide full rate frames of 
the data to the transmitter irrespective of the Vocoder rate. 

22. The communication device of claim 21 wherein the 
controller is further configured to provide the full rate 
frames of the data to the transmitter by causing the variable 
rate Vocoder to operate at the full rate irrespective of data 
activity provided to the variable rate vocoder. 

23. The communication device of claim 21 wherein the 
controller is further configured to provide the full rate 
frames of the data to the transmitter by creating the full rate 
frames from the data when the variable rate vocoder is 
operating at one of the rates that is less than the full rate. 

24. The communication device of claim 23 wherein the 
full rate frames of the data created by the controller com 
priseS repeated versions of the data. 

25. The communication device of claim 18 wherein the 
transmitter is configured to transmit the data at the full rate 
power level irrespective of the Vocoder rate in a first mode, 
and wherein the transmitter is further configured to transmit 
the data at the power level associated with the Vocoder rate 
in a Second mode. 

26. The communication device of claim 25 further com 
prising a user interface configured to activate the first mode. 

27. The communication device of claim 25 further com 
prising a data port configured to activate the first mode. 

28. The communication device of claim 25 wherein the 
controller is further configured to generate a message indi 
cating that the first mode has been activated, and the 
transmitter is further configured to transmit the message to 
a remote location. 
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29. The communication device of claim 28 wherein the 
controller is further configured to receive a response from 
the remote location authorizing the communication device to 
operate in the first mode. 

30. The communication device of claim 18 wherein the 
transmitter is configured to transmit the data at the full rate 
power level irrespective of the vocoder rate only when the 
full rate power level exceeds a threshold. 

31. A method for reducing interference generated by a 
communication device, comprising: 

operating a variable rate Vocoder at one of a plurality of 
rates including a full rate and at least one rate less than 
the full rate, each of the rates having a power level 
asSociated there with; 

transmitting data from the variable rate decoder at the full 
rate power level irrespective of the operating rate of the 
variable rate vocoder when said full rate power level 
exceeds a predetermined threshold. 

32. The method of claim 31 wherein the data comprises 
Speech. 

33. The method of claim 31 wherein the operating rate of 
the variable rate Vocoder is a function of data activity 
provided to the variable rate vocoder. 
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34. The method of claim 31 wherein the data transmission 

further comprises transmitting full rate frames of the data 
irrespective of the operating rate of the variable rate Vocoder. 

35. The method of claim 34 wherein the operating rate of 
the variable rate vocoder is the full rate irrespective of data 
activity provided to the variable rate vocoder. 

36. The method of claim 34 wherein the operating rate of 
the variable rate Vocoder is one of the rates that is less than 
the full rate. 

37. The method of claim 36 wherein the full rate frames 
each comprises repeated versions of the data. 

38. The method of claim 31 further comprising activating 
a mode which causes the data transmission at the full rate 
power level irrespective of the Vocoder rate. 

39. The method of claim 38 further comprising generating 
a message indicating that the mode has been activated, and 
transmitting the message to a remote location. 

40. The method of claim 39 further comprising receiving 
a response to the message from the remote location. 

41. The method of claim 31 wherein the data is transmit 
ted at the full rate power level irrespective of the vocoder 
rate only when the full rate power level exceeds a threshold. 
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