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METHOD FOR ESTABLISHING A
COMMUNICATION LINK, SUBSCRIBER
TERMINAL AND SWITCHING CENTER

TECHNICAL FIELD

The invention concerns a method for establishing a digital
communication link, in particular a digital voice link,
between at least two subscriber terminals. The invention
further concerns a subscriber terminal and a switching center
for establishing the digital communication link.

BACKGROUND OF THE INVENTION

For digital telephone links, according to the ISDN
standard, communication links are configured between two
subscriber terminals at a standard transmission rate of 64
kbit/s per B channel. This is described, for example, in the
article “Digitales Vermittlungssystem EWSD” [EWSD digi-
tal switching system] by K. Langner (Telekom Unterrichtsbl
atter, Vol. 46, 2, 1993). An originating subscriber negotiates
the call request via a control channel (D channel) with a
switching center, which then sets up the communication
link.

According to ITU-T Recommendation 1.460 (Facsimile
II1.8-Rec. 1.460, 1993), it is possible in ISDN to use other
transmission rates lower than 64 kbit/s, for example 8, 16, or
32 kbit/s, and then to adapt them to the transmission rate of
a B channel. There furthermore exists the possibility of
multiplexing several data signals with a lower transmission
rate into one 64 kbit/s B channel.

SUMMARY OF THE INVENTION

It is the object of the invention to provide a method with
which it is possible, in a digital telecommunications
network, to establish between at least two subscriber termi-
nals a communication link which is better adapted to the
transmission bandwidth used by one subscriber. Further
objects of the invention are to provide a subscriber terminal
and a switching center which are suitable for carrying out the
method.

The object is achieved by a method for establishing a
digital communication link between an originating sub-
scriber terminal and at least one called subscriber terminal,
having the steps of requesting from a switching center a link
from the originating subscriber terminal to the called sub-
scriber terminal; and establishing the link at a standard
transmission rate, further having the steps of selecting a new,
lower value for the transmission rate; agreeing upon the new,
lower value with the switching center; and switching the
transmission rate of the link over to the new, lower value.

The object is also achieved by a subscriber terminal for
establishing a digital communication link to at least one
called subscriber terminal, having the following devices:
means for requesting from a switching center a provisional
link to the called subscriber at a standard transmission rate;
means for selecting a new, lower value for the transmission
rate; and means for agreeing with the switching center upon
the new, lower value.

The object is still further achieved by a switching center
for establishing a digital communication link between at
least two subscriber terminals, having the following devices:
means for establishing, at a standard transmission rate, a
provisional link to a called subscriber terminal requested by
an originating subscriber terminal; means for agreeing with
the originating subscriber terminal upon a new, lower value
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for the transmission rate; and means for switching the
transmission rate of the provisional link over to the new,
lower value.

One advantage of the invention is that the available
transmission capacity of a telecommunications network can
be used more effectively, and that only as much transmission
capacity as is actually necessary needs to be made available
for a communication link. A further advantage is that if a call
metering system depends on the maximum payload that can
be transmitted via the communication link that is
established, there is a cost economy in terms of call charges
for the subscriber.

BRIEF DESCRIPTION OF THE DRAWING

The invention will be explained below in an exemplifying
embodiment, with reference to the single FIGURE. The
FIGURE shows a flow chart with the individual steps of the
method.

BEST MODE FOR CARRYING OUT THE
INVENTION

The invention is based on the recognition that for some
applications, in particular for voice transmission using mod-
ern voice coders (codecs), the maximum transmission rate of
a communication link, which in the case of ISDN is, for
example, 64 kbit/s, is not entirely necessary. If two sub-
scriber terminals connected via a communication link are
both capable of using a previously defined voice coder, the
transmission rate can then be reduced. This makes it possible
to economize on transmission capacity in a telecommuni-
cations network.

A basic idea of the invention consists in first setting up a
provisional communication link at a predefined standard
transmission rate (for example, 64 kbit/s), then selecting a
new value for the transmission rate, agreeing upon that new
value with a switching center, and then changing the trans-
mission rate of the provisional communication link over to
the new value.

A variety of criteria can play a role in the selection of the
new value: A determination can be made as to the transmis-
sion rates which are supported by the called subscriber
terminal, the voice coders which the originating and called
subscriber terminals can use, the magnitude of the required
transmission rate, and the quality with which a communi-
cation transmission is to take place.

In the exemplifying embodiment, the following steps
shown in the flow chart of FIG. 1 are executed in succession:

S1: The originating subscriber terminal requests, from the
switching center to which it is connected, a communication
link to a called subscriber terminal at the standard transmis-
sion rate of 64 kbit/s. The communication link requested is
to be a provisional link. The subscriber terminals are ISDN
telephones; the communication link is to be used as a voice
link.

S2: The call request is implemented by the switching
center by establishing the communication link to the called
subscriber terminal as a provisional link. The switching
center in this case is a local switching center. Depending on
the location of the called subscriber terminal, the commu-
nication link can run via further switching centers, for
example a long-distance switching center and the local
switching center to which the called subscriber terminal is
connected.

S3: The originating subscriber terminal then selects a new
value for the transmission rate. The selection is made from
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a series of possible predefined values. For this purpose, the
originating subscriber terminal requests from the called
subscriber terminal a list of possible values. The originating
subscriber terminal furthermore asks the called terminal
which voice coders can be used. The lowest value with
which the voice coder can operate is then selected. In the
exemplifying embodiment, this is 4 kbit/s.

S4: The selected value is then agreed upon between the
switching center and the originating subscriber terminal as
the new value for the transmission rate of the communica-
tion link. This agreement can be accomplished via the D
channel protocol of the control channel.

S5: The switching center then changes the transmission
rate of the provisional link over to the agreed-upon lower
value. Establishment of the communication link is thereby
complete.

From the time of the changeover, a voice coder which
compresses voice signals to be transmitted and decom-
presses received voice signals is used in both the originating
and the called subscriber terminal. The same protocol with
the same bit sequence frequency (standard transmission rate)
can always be used, before and after the changeover,
between the subscriber terminal and switching center. The
new transmission rate between subscriber terminal and
switching center can be adapted to the standard transmission
rate, as defined by ITU-T 1.460. A transmission at a reduced
transmission rate takes place, however, between the local
switching centers to which the originating and called sub-
scriber terminals are respectively connected.

In the switching center to which the originating subscriber
is connected, several signals of low-transmission-rate com-
munication links of other subscribers can advantageously be
multiplexed into a single signal at the standard transmission
rate, as provided for in ITU-T 1.460. For example, 16
communication links at 4 kbit/s each, or 4x8 kbit/s and 8x4
kbit/s, or even other combinations of possible lower trans-
mission rates (32 kbit/s, 16 kbit/s, 8 kbit/s, 4 kbit/s) are
within the realm of possibility. The multiplexed signal at the
standard transmission rate can then be transmitted via a
single channel to another switching center, for example the
long-distance switching center. Line capacity in the tele-
communications network is thereby economized. It is par-
ticularly advantageous in this context if the possible lower
values for the transmission rate are integral divisors of the
standard transmission rate (for example 2, 4, 8, or 16 of 64).

In addition to telephone calls, the communication link can
also be used for data transmission, fax, or the like. The
transmission rate in this case is adapted to the transmission
rate necessary for the particular function. Depending on the
types of fax machines that are transmitting and receiving, a
fax can be transmitted, for example, at 9.6 kbit/s. For data
transmission, the transmission rate can be determined by the
volume of data to be transmitted; 2.4 kbit/s may be
sufficient, for example, for online services.

Advantageously, the call charge billed by the operator of
the telecommunications network for communication links at
a reduced transmission rate is lower than for those at the
standard transmission rate.

Before changing over the transmission rate, it is advan-
tageous if the new value is also agreed upon between the
called and originating subscriber terminals, so that no dis-
ruption of the link occurs. In the case of ISDN, this agree-
ment can be accomplished via the transmission channel (B
channel), since the control channel is not switched transpar-
ently through from one terminal to the other. Alternatively,
the changeover operation can also be signaled by the inter-
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posed switching centers to the called subscriber terminal via
the control channel. Another possibility is to integrate into
the called subscriber terminal an apparatus which automati-
cally detects a changeover by recognizing the new trans-
mission rate.

The communication link can also be a conference call
from one originating subscriber terminal to several called
subscriber terminals, or a forwarded connection created by
a call transfer. In the latter case, it is possible for only a
portion of the communication link to be operated at the
reduced transmission rate, for example if the subscriber
terminal to which the call was forwarded does not have a
voice coder and therefore does not support calls at a reduced
transmission rate. In the former case (conference call), all
the subscriber terminals involved should use a voice coder
and should support calls at a reduced transmission rate in
order for communication among all the terminals to be
possible (lowest common denominator).

The switching center can also be a telecommunications
system (private branch exchange). This is advantageous, for
example, for company networks which consist of subnet-
works connected to one another via leased lines.

In an advantageous development of the method according
to the present invention, the transmission rate is reduced in
steps. The stepwise reduction in the transmission rate can be
performed until a connection with acceptable voice quality
is achieved. If the quality of the voice connection is too poor,
due to excessive data reduction by the voice coder or
because of transmission errors, operation is then switched
back to the last acceptable transmission rate. This procedure
also makes possible an automatic determination of the
transmission rates which are supported by the called sub-
scriber terminal.

It may also prove advantageous to switch the transmission
rate back to the standard transmission rate during a call, for
example if the quality of the connection is poor, i.e. if
transmission errors occur which interfere with a connection
at a reduced transmission rate.

A subscriber terminal suitable for carrying out the method
has means for requesting a provisional connection to a called
subscriber terminal from the switching center to which it is
connected. In telecommunications networks according to the
ISDN standard, this is an interface to the switching center
via the D channel, by way of which the connection request
is effected using the D channel protocol. The subscriber
terminal also has a selector device for selecting a new, lower
value for the transmission rate. The selector device can also
determine which value is suitable. The selector device can
also be a function that can be activated by the user using a
key, for example a “high bit rate—low bit rate” switch. The
subscriber terminal furthermore has means for agreeing
upon the new value with the switching center. In the case of
ISDN, this can also be the interface to the D channel.
Advantageously, the subscriber terminal has a voice coder.
The aforementioned functional units can be embodied, for
example, as clements (modules) of a software program
which controls the operation of a digital, processor-
controlled subscriber terminal.

A switching center suitable for carrying out the method
possesses, in addition to the usual means for establishing a
communication link requested by an originating subscriber
terminal to a called subscriber terminal at the standard
transmission rate, means for agreeing upon the new value for
the transmission rate with the originating subscriber
terminal, and means for changing the transmission rate of
the established communication link over to the new, lower
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value. Advantageously, the switching center also possesses
means for multiplexing several communication signals at
lower transmission rates into one signal at the standard
transmission rate. The aforementioned functional units can
be embodied as elements (modules) of a software program
which controls the operation of a digital switching center.

In an advantageous development of the switching center
according to the present invention, the latter additionally
possesses means for converting the signals received at the
lower transmission rate via the connection to the originating
subscriber terminal into signals at the standard transmission
rate. A voice connection from the originating subscriber
terminal at a reduced bit rate is thereby possible, even to
subscriber terminals which do not support calls at a reduced
transmission rate. For this purpose, a conversion and adap-
tation of the received signals to signals at the standard
transmission rate is performed in the destination switching
center to which the called subscriber terminal is connected.
These converted signals are transmitted over the remaining
connection segment to the called subscriber terminal. In this
instance, the agreement as to the lower transmission rate is
arrived at with the destination switching center rather than
with the called subscriber terminal.

What is claimed is:

1. A method for establishing a digital communication link
between an originating subscriber terminal and at least one
called subscriber terminal, comprising the following steps:

requesting from a switching center a link from the origi-
nating subscriber terminal to the called subscriber
terminal;

establishing the link at a standard transmission rate,
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selecting a new, lower transmission rate;

agreeing upon the new, lower transmission rate with the

switching center; and

switching the standard transmission rate of the link over

to the new, lower transmission rate,
wherein signals of several communication links at lower
transmission rates are multiplexed in the switching center
into a signal at the standard transmission rate.

2. The method as defined in claim 1, in which the new,
lower transmission rate is selected from a series of pre-
defined values.

3. The method as defined in claim 2, in which a list with
the series of predefined values is requested from the called
subscriber terminal.

4. The method as defined in claim 1, in which the value
of the standard transmission rate is an integral multiple of
the new, lower transmission rate.

5. The method as defined in claim 1, in which the
communication link is a voice link for transmitting digital
telephone conversations.

6. The method as defined in claim 5, in which the voice
to be transmitted is digitized and compressed.

7. The method as defined in claim 1, in which the new,
lower transmission rate is also agreed upon between the
called and originating subscriber terminals.

8. The method as defined in claim 1, in which the new,
lower transmission rate is automatically recognized by the
called subscriber terminal.



