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57 ABSTRACT 

Correlation signals between the residual intersymbol 
interference, which is the difference signal between the 
input and output signals of the decision circuit, and the 
result of decision is cumulatively added by an integra 
tor. The result of the integration is sampled by a sampler 
at every NT. A phase control circuit, whose input is the 
difference signal between the sampled signal and the 
previous integration result, adaptively controls the 
phase renewal quantity during training in accordance 
with the codes of the aforementioned two input signals. 
The above-described configuration makes it possible to 
reduce the convergence time of the decision feedback 
equalizer to about 3 of that taken by the conventional 
process, and manifests a significant effect in satisfying 
the requirement for the warm start in training, pre 
scribed for the set-up mode of the system. 

2 Claims, 5 Drawing Sheets 
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SAMPLNG PHASE EXTRACTING CIRCUIT 

BACKGROUND OF THE INVENTION 

The present invention relates to a digital subscriber 
loop system, and more particularly to a sampling phase 
extracting circuit for use in a digital subscriber loop 
system. 
A digital subscriber loop system for bidirectional 

communication according to the prior art is provided 10 
with an echo canceller for eliminating echo signals from 
the transmitter on the terminal and with an equalizer for 
equalizing intersymbol interference. 
A conventional sampling phase extracting circuit 

includes a multiplier for generating a correlation signal is 
between a residual intersymbol interference (which is 
the difference signal between the input signal and the 
output signal of the decision circuit) and the result of 
decision (which is the output signal of the decision 
circuit). The correlation signal is turned into an inte-20 
grated signal resulting from N cumulative additions by 
an integrator. The integrated signal is sampled by a 
sampler at every NT to produce a sampled signal which 
is inputted to a phase control circuit. The phase control 
circuit digitally controls the phase of a baud rate clock 25 
(80 kHz), which is the operational clock for the system, 
for each period (about 65 nsec) of an external oscillator 
(15.36 MHz), which is the master clock of the system. 
However, the conventional phase extracting citcuit has 
a problem in that since it digitally controls the phase in 30 
the clock width (65 nsec) units of the master clock 
(15.36 MHz) in sampling phase synchronization, it in 
vites prolongation of the phase synchronization time. 
This prolongation of the phase synchronization time is 
due to the mutual interference witnessed between the 35 
converging characteristic of the decision feedback 
equalizer and the synchronizing characteristic of the 
phase control circuit. Thus, unless the decision feed 
back equalizer converges, the phase control circuit will 
not operate normally, and the decision feedback equal- 40 
izer, in order to converge, should operate within a cer 
tain limited range of phase. 

SUMMARY OF THE INVENTION 

It is, therefore, an object of the present invention to 45 
provide a sampling phase extracting circuit capable of 
increasing the speed of the convergence of the sampling 
phase with a view to realizing fast convergence of the 
decision feedback equalizer. 
An aspect of the present invention comprises a re- 50 

ceiving circuit for receiving a coded signal by a pre 
scribed coding formula. A decision circuit discriminates 
the code level of the received signal. An equalizer re 
moves intersymbol interference of signals sampled from 
the received signal on a code-by-code basis to detect the 55 
sampling phase of the received signal. 
The present sampling phase extracting circuit further 

includes a first integrator for detecting and accumulat 
ing the intersymbol interference components of the 
codes discriminated by the decision circuit. A sampling 60 
circuit samples the accumulated output from the inte 
grator. A phase control circuit generates a sampling 
signal by varying the sampling phase for the received 
signal according to a first sampled signal, which is an 
output of the sampling circuit, and a second sampled 65 
signal of a prescribed length of time before that. 
The phase control circuit makes the variance of the 

sampling phase, when the amplitude of the first sampled 

5 

2 
signal is greater than that of the second sampled signal, 
greater than the variance of the sampling phase when 
the amplitude of the first sampled signal is smaller than 
that of the second sampled signal. 

In the above-described configuration of the present 
invention, the integrator comprises a differential circuit 
for generating a residual intersymbol interference, 
which is a difference signal between the input signal and 
the output signal of the decision circuit, a correlation 
circuit for generating a correlation signal between the 
difference signal and the output signal of the decision 
circuit; and an integrator for integrating the correlation 
signal for every one of the sampling phases. 
BRIEF DESCRIPTION OF THE DRAWINGS 
The above and other objects, features and advantages 

of the present invention will become more apparent 
from the following detailed description taken with the 
accompanying drawings in which: 
FIG. 1 shows a block diagram illustrating the config 

uration of a digital subscriber loop system according to 
the prior art; 
FIG. 2 shows a more specific block diagram of the 

system shown in FIG. 1; 
FIGS. 3A and 3B show a waveform diagram for 

explaining sampling phases; 
FIG. 4 shows a block diagram of one embodiment of 

the present invention; 
FIG. 5 shows a characteristics diagram showing the 

result of simulation of the total sums of the squares of 
the coefficients of the 22-tap FIR filter; 
FIG. 6 shows a block diagram of the phase control 

circuit; and 
FIG. 7 shows a time chart for the block diagram of 

FIG. 6. 

DETAILED DESCRIPTION OF THE 
PREFERRED EMBODIMENT 

To better understand the present invention, a refer 
ence will be made to a conventional digital subscriber 
loop system, shown in FIG. 1. 
As shown in FIG. 1, the subscriber loop system com 

prises a transmitting circuit 301. A digital transmit sig 
nal from the transmitting circuit 301 is converted into 
an analog signal by a D/A converter 302, and sent out 
to a subscriber line 305. A received signal from the 
Subscriber line 305 is supplied via a hybrid transformer 
304 to an A/D converter 306, in which it is converted 
into a digital signal. Since the digital signal contains an 
echo component, which is a leak signal from the trans 
mitting circuit 301, and components of the distortion of 
the received signal and intersymbol interference, they 
are removed by an echo canceller 303 and with a deci 
sion feedback equalizer 310 including an FIR filter. 
Thus an adder 308 outputs a signal free of echo and 
intersymbol interference by performing addition (actu 
ally subtraction) between the output of the A/D con 
verter 306 and these outputs of the canceller and the 
equalizer, and the decision circuit 307 produces a deci 
sion value. Incidentally, the sampling phase extracting 
circuit 309 detects the sampling phase by utilizing the 
input and output signals of the decision circuit 307. 
As analog signals to be transmitted over the sub 

Scriber line 305, four-value signals (signals of the 2BIQ 
code) for ISDN’s U interface are often used. These 
signals are 80Kbaud signals in which binary two bits 10, 
11,01 and 00 of 160 kb/s correspond to the -3, -1, -1 
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and -3 levels, respectively. In this case, the decision 
circuit 307 outputs decision values +3, +1, -1 and -3 
at a baud rate period of 1/80 kHz. 
FIG. 2 is a block diagram illustrating in detail a part 

of the system of FIG. I. In the figure, a Vfline equal 
izer 300 for equalizing the line loss is newly added. The 
sampling phase extracting circuit 309 comprises a multi 
plier 210 for generating a correlation signal 220 between 
a residual intersymbol interference, which is the differ 
ence signal between the input signal and the output 
signal of the decision circuit. The correlation signal 220 
is turned into a signal 221 resulting from N cumulative 
additions by an integrator consisting of an adder 211 
and a delay 212 having a baud rate period of T=1/80 
kHz. This processing of N cumulative additions aver 
ages the correlation signal 220. The integrated signal 
221 is sampled by the sampler 213 at every NT by a 
clock signal having NT repetition frequency which is 
derived from an oscillator 217. Here the internal result 
of the delay 212 is reset (initialized) at every NT. The 
sampled signal 222 is inputted to the phase control cir 
cuit 216. The phase control circuit 216 digitally controls 
the phase of a baud rate clock (80 kHz), which is the 
operational clock for the system, for each period (about 
65nsec) of the external oscillator (15.36MHz), which is 
the master clock of the system. Here N (the number of 
integrations) is set at 64, taking account of the compli 
ance of phase synchronization and the quantity of jitter 
which occurs, among other factors. 
FIG. 3 (a) is a waveform diagram of an ideal solitary 

wave equalized by each equalizer in FIG. 2 (and FIG. 
1). The phase control circuit 216 will be at its optimum 
if it is so adjusted that the phase of the sampling signal 
(sampling phase in each equalizer), which is its output, 
comes to the position of -2T, -T, 0, T or 2T in FIG. 
3 (a) . However, if the phase of the sampling signal 
comes to the position of point Ain FIG. 3 (b), i.e. if the 
sampling phase is advanced, the signal 222 will be posi 
tive, while the sampling phase is delayed as at point B in 
FIG. 3 (b), the signal 222 will be negative. Therefore, 
the phase control circuit 216 is so adjusted as to bring 
the sampling phase to point Caccording to whether the 
signal 222 is positive or negative. 
The algorithm of phase control is shown below, with 

the phase renewal quantity at a time being represented 
by AT. 

1) When the signal 22220, AT= -T/192 (the phase 
is delayed by 65 nsec). 

2) When the signal 222<0, AT= T/192 (the phase is 
advanced by 65 nsec). 
Thus the phase renewal quantity at the time of sam 

pling phase synchronization is made equal to one phase 
width (65nsec) of the system clock (15.36MHz), which 
is 192 times the baud rate clock (80 kHz), and is con 
trolled (either advanced or delayed) according to the 
sign of the signal 222. It is made possible to extract the 
optimal sampling phase from received data by perform 
ing the above-described action during training and dur 
ing normal operation. 
The training period is provided as the set-up mode for 

the system before the total duplex communication state 
is achieved, and it can be classified into two modes 
including a cold start, which is a start-up from the fully 
reset state of the system, and a warm start, which is a 
start-up from a state in which the subscriber line is held 
as it is. The training durations for these two modes are 
separately prescribed; according to the ANSI (Ameri 
can National Standards Institute) standards, which are 
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4 
the North American standards, the cold start is pre 
scribed to be within 15 sec and, the warm start, within 
300 Insec. 

During the training period, the convergence of the 
echo canceller 303, that of the decision feedback equal 
izer 310, and the synchronization of the system with the 
sampling phase by the sampling phase extracting circuit 
309 are carried out. Especially, the convergence of the 
decision feedback equalizer 310 and the sampling phase 
synchronization interfere with each other, and invites 
prolongation of the training period, and this poses a 
problem particularly when the training time require 
ment in the warm start mode is to be satisfied. 
The present invention is intended to increase the 

speed of the convergence of the sampling phase with a 
view to realizing fast convergence of this decision feed 
back equalizer. 

FIG. 4 is a block diagram illustrating an embodiment 
of the invention. In the figure, the blocks except a sam 
pling phase control circuit 100 are the same as those of 
the circuit of FIG. 2. Thus in FIGS. 4 and 2, a sub 
scriber line 101 is the same as 305; a hybrid transformer 
102, as 304; an analog-to-digital converter 103, as 306; 
an echo canceller 104, as 303, adders 105a and 105b, as 
308a and 308b; a line equalizer106, as 300; a discrimina 
tive decider 107, as 307; an adder 108, as 208; a delayer 
109, as 209; a multiplier 110, as 210; an adder 111, as 211; 
a delayer 112, as 212; a decision feedback type equalizer 
118, as 310; and transmission codes are the same. 
Here the adder 108, delay 109, multiplier 110, adder 

111 and delay 112 constitute a first circuit for detecting 
and accumulating (integrating) the intersymbol interfer 
ence components of codes discriminated by the decision 
circuit 107. The sampling phase control circuit 100 
includes a sampling circuit and a phase control circuit 
according to the present invention. 
The operations will be described below. As the oper 

ations from the hybrid transformer 102 to the decision 
circuit 107 are the same as the prior art illustrated in 
FIGS. 1 and 2, their description will be dispensed with. 
As in the conventional process, the residual inter 

symbol interference, which is the difference signal of 
the input and output signals of the decision circuit 107, 
is delayed by one time slot equivalent (T-12.5 sec) of 
the baud rate clock (80 kHz) by the delay 109, and the 
correlation with the output signal of the decision circuit 
107 is obtained by the multiplier 110. The correlation 
signal 120 are cumulatively added by an integrator con 
sisting of the adder 111 and the delay 112. The inte 
grated signal 121 is supplied to the sampling phase con 
trol circuit 100, and sampled by a sampler 113 at every 
NT. Simultaneously with the sampling at every NT, the 
integrated signal is also reset in the delay 112. Here N 
represents the number of integrations, and is set at 64 as 
in the conventional process. A sampled signal 122 is 
inputted to a time NT delay 114. An adder 115 outputs 
a difference signal 123 between the sampled signal 122 
and a signal resulting from its delaying by time NT by 
the delay 114. The signals 122 and 123 are inputted to a 
phase control circuit 116, and the phase control circuit 
116 controls the phase of the baud rate clock on the 
basis of a 15.36 MHz master clock. 

Thus, while the phase of the baud rate clock is con 
trolled only with the sign of the signal 122 by the con 
ventional process, the present invention performs phase 
control by using the signal 122 and the signal 123 of 
difference from the previous phase control signal (time 
NT before). 
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Here, when the sampling phase substantially deviates 
from the optimal phase, the amplitude of the signal 122 
becomes greater than its value of time NT before. In 
this case, the signal 12220 and the signal 12320, or the 
signal 122<0 and the signal 123C0. On the other hand, 
when the deviation of the sampling phase diminishes, 
the signal 12220 and the signal 12340, or the signal 
122<0 and the signal 12320. Therefore, the phase 
control algorithm of this embodiment is as follows, 
where the phase control quantity at a time is repre 
sented by At. 

When signal 12220 and signal 12320, 
Aras -2TA192 (1) 

When signal 12220 and signal 123-C0, Ar = -T/192 (2) 

When signal 122<0 and signal 12320, AT=T/192 (3) 

When signal 122<0 and signal 123CO, AT=2T/192 (4) 

Here T represents the baud rate period (1/80 kHz), 
which is 192 times as long as the period of the system 
clock (15.36 MHz). The aforementioned algorithm 
makes it possible to accelerate synchronization with the 
optimal phase and the convergence of the decision feed 
back equalizer by adaptively controlling AT with the 
signals 122 and 123. 
FIG. 5 shows the result of simulation of the converg 

ing characteristic of the decision feedback equalizer 
during training. A 22-tap FIR filter is used as the deci 
sion feedback equalizer, and in FIG. 5, the horizontal 
axis represents the time, and the vertical axis, the total 
sum of the squares of the coefficients of the 22 taps. This 
figure shows the growth process of the coefficients of 
the decision feedback equalizer; the square rate of the 
total sum of the squares of the coefficients takes on a flat 
characteristic when the decision feedback equalizer 
converges. From the figure, it is seen that the decision 
feedback equalizer used in the conventional system 
takes about 3,200 T (40 msec) to converge. 
On the other hand, the convergence time of the deci 

sion feedback equalizer in the invention is reduced to 
1600 T (20 msec), which is about of that taken by the 
conventional process. 

FIG. 6 is a detailed block diagram of the phase con 
trol circuit 116 for the subscriber loop transmission 
system shown in FIG. 4. 

One-bit decision circuits 501 and 502 respectively 
decide the signs of the phase control signals 122 and 
123, and generate output signals 505 and 506 represent 
ing those signs. Zero level comparators, for instance, 
are suitable as the one-bit decision circuits. A frequency 
divider control circuit 503 generates a control signal 
507 in accordance with the output signals 505 and 506to 
perform control over a frequency divider (counter) 504. 
Its phase control algorithm is as shown by the above 
cited formulas (1) through (4) . 

FIG. 7 is a timing chart showing the 15.36MHz clock 
signal from a quartz oscillator 117 and the frequency 
division output signal of the frequency divider 504. The 
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6 
frequency divider 504 generates frequency division 
pulses by counting 192 clock signals of 15.36MHz, and 
forms sampling clock signals 509 of 80 kHz in baud rate. 
While the counter divides the frequency by 192 during 
its steady operation, it counts 190, 191, 193 or 194 ac 
cording to the signal 507 when the signal 507 is gener 
ated, i.e. when the decision feedback equalizer 118 does 
not converge and the sampling phase is deviating from 
its appropriate value. As a result, the clock period of the 
clock signals 509 varies at 2T/192, T/192, -T/192 and 
-2T/192 to correct the sampling phase. 
As hitherto described, the present invention can ac 

celerate the convergence of the decision feedback 
equalizer and the phase synchronization of the baud rate 
clock by adaptively controlling, when phase-synchro 
nizing the baud rate clock during training, the phase 
control quantity in the converging process of the deci 
sion feedback equalizer by using the quantity of residual 
intersymbol interference. 
What is claimed is: 
1. A sampling phase extracting circuit for determin 

ing a sampling phase of a received signal, for use in a 
transmission system including a discriminating circuit 
for receiving from a transmission path said received 
signal and discriminating said received signal, and an 
equalizer for removing intersymbol interference from 
said received signal, said sampling phase extracting 
circuit comprising: 

a sampler for sampling a signal resulting from integra 
tion of a correlation signal between a residual inter 
symbol interference, which is a difference signal 
between an input and an output signal of said dis 
criminating circuit, and the output signal of said 
discriminating circuit; 

a delay having as its input a first signal sampled by 
said sampler; 

an adder for subtracting the output signal of said 
delay from said first signal to produce a difference 
signal; and 

a phase control circuit for varying the sampling phase 
according to said first signal and the difference 
signal, 

Said phase control circuit controlling said sampling 
phase to make the variance of said sampling phase, 
when one of both and neither of said first signal and 
said difference signal have negative values, greater 
than when exactly one of said first signal and said 
difference signal has a negative value. 

2. A sampling phase extracting circuit, as claimed in 
claim 1, wherein said phase control circuit includes 
decision means for discriminating the polarities of said 
adder first signal and the output of said; 
means for generating a high speed clock signal; 
means for dividing a frequency of said clock signal; 
and 

means for making the frequency division ratio of said 
clock signal variable according to the output of 
said decision means. 

k k 
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