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EP 3 370 438 B1
Description

[0001] The presentinvention relates to an audio testing system according to claim 1, a method of testing a loudspeaker
according to claim 6, and an audio device according to claim 15.

Background of the Invention

[0002] It is known that peaks in sound power output levels are the most common reason for irreversible damage to
loudspeakers in audio devices. Such peaks can move the diaphragm of a loudspeaker suddenly and strongly by suffi-
ciently much that the loudspeaker will be unable to return to its normal rest position, or such that the diaphragm’s
suspension becomes torn or otherwise damaged. A loudspeaker’s departure from its normal rest position during operation
is sometimes known as the loudspeaker’s excursion, and the limit beyond which such damage to the loudspeaker can
occur is therefore known as the excursion limit. Several different techniques are known in the prior art for trying to prevent
loudspeakers from exceeding their excursion limit, in order to protect them against such irreversible damage.

[0003] One known technique is to monitor the amplitude of an audio signal input to a loudspeaker of an audio device
and to use an equalizer of the audio device to reduce the gain of low-frequency components of the input audio signal if
the amplitude of the signal is found to be above a predetermined level. This reduces the risk of high-amplitude, low-
frequency components causing the loudspeaker to exceed its excursion limit, damaging the loudspeaker. However, the
disadvantage of this approach is that the maximum sound output level is not monitored or controlled, so that even if the
gain of the input signal is reduced, the output level may still exceed that at which damage to the loudspeaker can occur.
[0004] Forexample, EP 1591 995 describes a method for automatically determining an equalizing filter characteristic
for an indoor communication system of a vehicular cabin, wherein the indoor communication system comprises at least
one loudspeaker and at least one microphone. The method described in this document comprises emitting a predeter-
mined test signal by a loudspeaker of the indoor communication system, receiving the test signal by a microphone of
the indoor communication system to obtain a received test signal, automatically determining a transfer function in the
frequency domain based on the test signal and the received test signal, and automatically determining an equalizing
filter characteristic based on the transfer function.

[0005] Another approach, as described, for example, in US 4,583,245, is not to reduce the amplification of high-
amplitude, low-frequency components of an input audio signal, but to reroute them away from one loudspeaker of an
audio device which risks being damaged by them to another loudspeaker of the device which is better able to cope with
them, such as from a tweeter to a woofer. This is also done by monitoring the level of the input audio signal, but by
changing the frequency of a boundary at which the frequency components are sent to each of the two loudspeakers
(called the "crossover" frequency), if a loudspeaker overload condition is found to exist. Thus according to this technique,
the crossover frequency is temporarily increased to route high-amplitude, low-frequency components to the woofer,
rather than to the tweeter, when the amplitude of the input signal is found to be above a predetermined level. However,
since the sound output level is manually adjusted, the adjustment of the crossover frequency can also be incorrect.
Moreover, since the sound output level is again not monitored, there remains a risk that damage to the tweeter in such
an audio device can still occur as there is no peak level control on the loudspeaker’s sound output level.

[0006] US 2013/0259241 describes limiting the sound pressure presented to a listener’s ears by one or more head-
phones, using processing capabilities of a personal media device. Headphones, coupled to audio signals from the
personal media device include a sensor the measure the sound pressure level presented to the listener’s ears, and
provide that measure to the personal media device. The personal media device adjusts the audio signal so that the
sound pressure level is maintained within a recommended range.

[0007] US 2007/0071255 describes adaptive sound reproduction to prevent distortion when sound is reproduced using
aloudspeaker or simple transducer, wherein the amplitude of the sound signal in a particular frequency range is reduced
if it exceeds a threshold. Amplitude reduced frequencies are partially or wholly mapped to other frequency ranges, so
that the total sound level is not affected.

[0008] Further relevant prior art teaching may be found in US2014/0140522 A1.

Object of the Invention

[0009] Itis therefore an object of the invention to provide an audio testing system, a method of testing a loudspeaker,
and an audio device.

Description of the Invention

[0010] The object of the invention is solved by an audio testing system according to claim 1. The audio testing system
at least comprises an audio device under test, at least one microphone, an audio analyser, a signal feedback line from
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the audio analyser to the device under test, and means for adjusting an output volume of the audio device under test
and setting a maximum volume of the device under test. The device under test comprises at least one loudspeaker
configured to receive an audio test signal and to emit a sound in response to the audio test signal. The at least one
microphone is configured to receive the sound from the at least one loudspeaker and to output an electrical signal in
response thereto. The audio analyser is configured to apply the audio test signal to the audio device under test, to receive
the electrical signal from the at least one microphone and to analyse the electrical signal to measure a level of distortion
in the sound emitted by the loudspeaker. The means for adjusting an output volume of the audio device under test is
configured to adjust the output volume to be initially substantially less than a maximum possible volume of the audio
device, and to incrementally increase the output volume of the audio device if the level of distortion measured by the
audio analyser is less than or equal to a maximum acceptable level of distortion until the audio analyser measures the
level of distortion to be greater than the maximum acceptable level of distortion. The audio analyser is configured to
stop the audio test signal when the level of distortion is greater than the maximum acceptable level of distortion, then
to determine whether the output volume of the audio device is less than a least acceptable value of the maximum volume
of the audio device, and if so, to reject the at least one loudspeaker as out of specification, whereas if not, the means
for adjusting an output volume of the audio device under test is configured to set the maximum volume of the device
under test to be equal to the output volume of the audio device when the measured level of distortion was last less than
or equal to the maximum acceptable level of distortion.

[0011] The audio device under test may be any device comprising at least one loudspeaker, such as a television, a
mobile phone, a portable audio device, a tablet, laptop or desktop computer, a hi-fi equipment component or system, a
home cinema system, an in-car entertainment system, and so on. The at least one microphone is preferably one or more
standardized, high-fidelity test microphones.

[0012] This solution is beneficial because the actual output sound level of the loudspeaker in the audio device under
test can be monitored by the audio analyser during testing and controlled by the means for adjusting and setting the
maximum volume of the device under test, thereby guaranteeing that the maximum desirable output sound level of the
loudspeaker cannot be exceeded during normal operation of the device subsequent to its testing and after the maximum
volume of the device under test has been set.

[0013] Advantageous embodiments of the invention may be configured according to any claim and/or part of the
following description.

[0014] In one possible embodiment, the audio device under test may comprise at least one digital signal input and be
separate from the audio analyser. By a digital signal input is meant an input suitable for receiving an electrical signal in
digital form. Examples of such audio devices include tablet computers, mobile phones, in-car entertainment systems
and the like, which although they may, in some cases, comprise their own microphone for receiving a sound input, do
not generally also have a socket suitable for receiving an analogue audio input in the form of an electrical signal, to
which one or more standardized, high-fidelity test microphones can be connected. In such a case, the audio analyser
is a separate component of the audio testing system from the audio device under test, and the signal feedback line from
the audio analyser to the device under test is supplied in digital form to the digital signal input of the device under test.
[0015] In an alternative possible embodiment, the audio device under test may instead comprise the audio analyser
and at least one analogue audio signal input connected thereto. Examples of such audio devices include hi-fi equipment,
televisions and home cinema systems, which although they may or may not comprise their own microphone for receiving
a sound input, generally do have a socket for receiving an analogue audio signal, to which one or more standardized,
high-fidelity test microphones may also be connected. Such audio devices generally also comprise an analogue-to-
digital converter connected to such a socket, which is configured to convert any input analogue audio signal into digital
form and which may also be used as an audio analyser.

[0016] Inone possible embodiment of the audio testing system, the means for adjusting and setting a maximum volume
of the device under test may comprise a software module of the device under test. The software module may comprise
at least one of audio signal processing software and firmware of the device under test. This embodiment may be more
convenient for devices such as mobile phones, televisions, and tablet, laptop or desktop computers.

[0017] In an alternative possible embodiment of the audio testing system, the means for adjusting and setting a
maximum volume of the device under test may comprises a hardware component of the device under test, such as a
loudspeaker protection circuit. This alternative embodiment may be more convenient for devices such as hi-fi equipment,
in-car entertainment systems, and home cinema systems.

[0018] The present invention also relates to a method of testing a loudspeaker according to claim 6. The method at
least comprises adjusting an output volume of an audio device under test, wherein the device under test comprises at
least one loudspeaker, such that the output volume of the audio device is initially substantially less than a maximum
possible volume of the audio device. The method then comprises applying an audio test signal to the audio device,
emitting a sound from the at least one loudspeaker in response to the audio test signal, receiving the sound from the at
least one loudspeaker with at least one microphone, outputting an electrical signal from the microphone in response to
the sound, and analysing the electrical signal to measure a level of distortion in the sound emitted by the loudspeaker.
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If the measured level of distortion is less than or equal to a maximum acceptable level of distortion, the method then
comprises incrementally increasing the output volume of the audio device and repeating the process of emitting a sound
from the at least one loudspeaker, receiving the sound with the at least one microphone, outputting an electrical signal
from the microphone and analysing the electrical signal, until the measured level of distortion is greater than the maximum
acceptable level of distortion. The method then comprises stopping the audio test signal, and determining whether the
output volume of the audio device is less than a least acceptable value of the maximum volume of the audio device. If
the output volume of the audio device is less than a least acceptable value of the maximum volume of the audio device,
then the at least one loudspeaker is rejected as out of specification. On the other hand, if the output volume of the audio
device is not less than the least acceptable value of the maximum volume of the audio device, then the maximum volume
of the audio device is set to be equal to the output volume of the audio device when the measured level of distortion
was last less than or equal to the maximum acceptable level of distortion.

[0019] This solution is beneficial because it guarantees that the maximum volume of the audio device can be set at
a level below that at which damage to the loudspeaker starts to occur, as indicated by when the maximum acceptable
level of distortion is reached, whilst also ensuring that the maximum volume of the audio device is also set to be more
than a least acceptable value, by rejecting loudspeakers that are out of specification.

[0020] The method may be carried out in an anechoic chamber, using one or more standardized, high-fidelity test
microphones, carefully placed in relation to the at least one loudspeaker of the audio device under test according to a
standardized test protocol, in such a manner as is well established for testing loudspeakers. Since, in general, distortion
in the audio testing system due to the at least one loudspeaker of the audio device under test will usually be significantly
greater than any distortion due to the at least one microphone and other electronic or software components of the system,
such other sources of distortion may safely be ignored when the electrical signal is analysed.

[0021] Preferably, the output volume of the audio device under test is initially adjusted to be less than about three-
quarters of the maximum possible output volume of the audio device, more preferably about two-thirds of the maximum
possible output volume of the audio device, and most preferably, around about one-half of the maximum possible output
volume of the audio device. So, for example, if the audio device under test has a maximum possible output volume of
10 sound watts, the output volume of the device under test is preferably initially adjusted to be less than 7.5 sound watts,
more preferably less than 6.7 sound watts, and most preferably, around about 5 sound watts. Initially adjusting the output
volume of the device under test in this way has the advantage of reducing the risk of accidentally damaging the at least
one loudspeaker during testing.

[0022] Preferably, the output volume of the audio device under test is incrementally increased each time from the
initial output volume by less than about 5%, and more preferably by only from about 1% to about 4%, of the maximum
possible output volume of the audio device. Thus, for example, if the audio device under test has a maximum possible
output volume of 10 sound watts and its output volume is initially adjusted to be about 6 sound watts, the output volume
can preferably be incrementally increased firstly to 6.25 sound watts, then to 6.5 sound watts, then to 6.75 sound watts,
and so on, until the level of distortion is measured to be greater than the maximum acceptable level of distortion.
Incrementally increasing the output volume of the audio device under test in this way also has the advantage of reducing
the risk of accidentally damaging the at least one loudspeaker during testing.

[0023] Preferably, the audio test signal comprises a plurality of peaks in power output at different frequencies. This is
beneficial because it is typically peaks in power output which are responsible for damaging loudspeakers. Thus by
providing a plurality of peaks in power output at different frequencies, the at least one loudspeaker may be tested in
such a way as to protect it from being damaged during use after testing across a range of frequencies corresponding
to the different frequencies of the peaks in power output.

[0024] If so, the method preferably comprises applying the plurality of peaks in power output to the device under test
sequentially at the same output volume of the audio device as each other. This is beneficial because it makes it easier
for the audio analyser to detect harmonics of each of the plurality of peaks in power output without being masked by or
interference from other ones of the plurality of peaks in power output at different frequencies.

[0025] Inone possible embodiment, the method comprises generating the audio test signal and analysing the electrical
signal outside the audio device under test. This embodiment of the method is beneficial because it is best suited to
testing the at least one loudspeaker of audio devices which do not have a socket for receiving an analogue audio input
in the form of an electrical signal, such as tablet computers, mobile phones, in-car entertainment systems and the like,
but which may nonetheless be tested with a separate audio analyser for generating the audio test signal and analysing
the electrical signal from the at least one microphone.

[0026] In another possible alternative embodiment, the method comprises generating the audio test signal and ana-
lysing the electrical signal in the audio device under test itself. This embodiment of the method is beneficial because it
is best suited to testing the at least one loudspeaker of audio devices which have a socket for receiving an analogue
audio signal, as well as an analogue-to-digital converter to convert an input analogue audio signal into digital form, such
as hi-fi equipment, televisions and home cinema systems. In such a case, the analogue-to-digital converter can be used
as an audio analyser to allow the audio device under test to analyse the performance of its own at least one loudspeaker.



10

15

20

25

30

35

40

45

50

55

EP 3 370 438 B1

[0027] In any case, the distortion which is measured is preferably total harmonic distortion (THD). This is beneficial
because it allows the use of a THD analyser having a notch filter, the frequency of which may be varied to correspond
to the frequency of a peak in power output of the audio test signal.

[0028] If the atleast one loudspeaker is rejected as being out of specification, the method preferably further comprises
removing the rejected loudspeaker from the device under test, replacing the removed loudspeaker with another loud-
speaker, and repeating the same method of testing on the device under test. This solution is beneficial because it allows
the device under test to be corrected and provided with a replacement loudspeaker which is within specification.
[0029] The presentinvention further relates to a computer program product or a program code or system for executing
one or more than one of the herein described methods.

[0030] Further features, goals and advantages of the present invention will now be described in association with the
accompanying drawings, in which exemplary components of the invention are illustrated. Components of the devices
and methods according to the invention, which are at least essentially equivalent to each other with respect to their
function can be marked by the same reference numerals, wherein such components do not have to be marked or
described in all of the drawings.

[0031] In the following description, the invention is described by way of example only with respect to the accompanying
drawings.

Brief Description of the Drawings
[0032]

Figs. 1A, 1B and 1C are respective schematic circuit diagrams of a loudspeaker protection circuit of the prior art,
and the application thereof in two-speaker and three-speaker audio systems;

Fig. 2 is a schematic diagram of a first embodiment of an audio testing system;
Fig. 3 is schematic diagram of a second embodiment of an audio testing system;
Fig. 4 is a graph plotting power against frequency, schematically representing an audio test signal; and
Fig. 5 is a schematic flow diagram of a method of testing an audio device.
Detailed Description of the Drawings

[0033] Figs. 1A, 1B and 1C respectively show a prior art loudspeaker protection circuit and its application in two-
speaker and three-speaker audio systems, as described in US 4,583,245. Referring firstly to Fig. 1A, the loudspeaker
protection circuit comprises an input amplifier 10, to which an audio input signal is applied. The amplified signal is passed
from there to a high-pass/low-pass filter section 12, from where low-frequency components of the signal are routed via
a first output amplifier 14 to a low-pass output and high-frequency components are routed via a second output amplifier
16 to a high-pass output. A high-pass sense input line 19 is monitored by an excursion limit sense circuit 18. If an overload
condition of the audio input signal to input amplifier 10 is detected on the high-pass sense input line 19, the excursion
limit sense circuit 18 switches the crossover frequency of the high-pass/low-pass filter section 12 via a switch 20 and a
line 22 connected to the high-pass/low-pass filter section 12, such that high amplitude low-frequency components of the
audio input signal originally intended for the high-pass output amplifier 16 are rerouted to the low-pass output amplifier
14 instead. Figs. 1B and 1C schematically show the application of the same principles to two-speaker (tweeter and
woofer) and three-speaker (tweeter, mid-range and woofer) loudspeaker systems, respectively. In Fig. 1B, the unit
labelled "2-way crossover" corresponds to the contents of Fig. 1A just described above. In Fig. 1C, the two units 9a, 9b,
both labelled "2-way crossover", each correspond to the contents of Fig. 1A described above.

[0034] Fig. 2 schematically shows a first embodiment of an audio testing system 200. The audio testing system 200
comprises an audio device 100 under test, a microphone 120, an audio analyser 130, a signal feedback line 140 from
the audio analyser 130 to the device 100 under test, and means for adjusting and setting a maximum volume of the
device under test (not visible in Fig. 2). The device under test 100 comprises two loudspeakers 102a, 102b for providing
left and right channels of stereo sound, each of which is configured to receive an audio test signal and to emit a sound
in response to the audio test signal. The microphone 120 is a standardized, high-fidelity test microphone and is positioned
in relation to the loudspeaker 102a according to a standardized test protocol, 1 metre distant from and axially aligned
with the loudspeaker 102a. Thus the microphone 120 is configured to receive the sound from the loudspeaker 102a and
to output an electrical signal in response thereto. The audio analyser 130 is configured to receive the electrical signal
from the microphone 120 and to analyse the electrical signal.
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[0035] The device under test 100 does not have an analogue audio input suitable for receiving an analogue signal
directly from the standardized, high-fidelity test microphone 120. It does, however, have a digital signal input 103.
Examples of such audio devices include tablet computers, mobile phones, in-car entertainment systems and the like.
Thus the audio analyser 130 is a separate component of the audio testing system 200 from the audio device 100 under
test, and the signal feedback line 140 from the audio analyser 130 to the device 100 under test is supplied in digital form
to the digital signal input 103 of the device 100.

[0036] During operation of the audio testing system 200, the audio test signal is generated in the audio analyser 130
and is supplied from there, via the signal feedback line 140 to the device 100 under test. The audio test signal is initially
supplied only to the channel of the audio device 100, which corresponds to the loudspeaker 102a, for testing loudspeaker
102a. After loudspeaker 102a has been tested, the microphone 120 is re-positioned according to the same test protocol
in front of the other loudspeaker 102b, for testing loudspeaker 102b. The audio test signal comprises a plurality of peaks
in power output at different frequencies, which are sequentially applied at the same output volume of the audio device
100 as each other. The device 100 under test causes the loudspeaker 102a to emit a sound in response to the audio
test signal. The microphone 120 picks up the sound generated by the loudspeaker 102a and outputs an (analogue)
electrical signal in response thereto, which is supplied back to the audio analyser 130 for analysis. The audio analyser
130 measures a level of distortion in the sound emitted by the loudspeaker 102a, which is total harmonic distortion. Thus
the audio analyser 130 looks for harmonics of the fundamental frequency of each of the plurality of peaks in power output
of the audio test signal which are sequentially applied to the device 100 under test, and uses these to calculate the total
harmonic distortion. The method of testing the loudspeaker 102a with the audio testing system 200 will be described in
greater detail below, in relation to Fig. 5.

[0037] Fig. 3 schematically shows a second embodiment of an audio testing system 300. The audio testing system
300 comprises an audio device 101 under test, a pair of microphones 120a, 120b, a signal feedback line 140a, 140b
from each respective one of the pair of microphones 120a, 120b to the device 101 under test, and means for adjusting
and setting a maximum volume of the device under test (not visible in Fig. 3). In this case, and in contrast to the audio
testing system 200 shown in Fig. 2, the audio device 101 under test comprises an audio analyser (also not visible in
Fig. 3), as well as a pair of analogue audio signal inputs 104a, 104b. Examples of such audio devices include hi-fi
equipment, televisions and home cinema systems. Each of the pair of analogue audio signal inputs 104a, 104b is
configured to receive a respective one of the pair of signal feedback lines 140a, 140b from the microphones 120a, 120b
and is connected to the audio analyser of the device 101 under test.

[0038] The device under test 101 also comprises two loudspeakers 102a, 102b for providing left and right channels
of stereo sound, each of which is configured to receive an audio test signal and to emit a sound in response to the audio
test signal. The pair of microphones 120a, 120b are both standardized, high-fidelity test microphones and are respectively
positioned in relation to the loudspeakers 102a, 102b according to a standardized test protocol, 1 metre distant from
and axially aligned with the respective loudspeaker 102a, 102b. Thus the microphones 120a, 120b are configured to
receive the sound from the loudspeakers 120a, 120b and to output an electrical signal in response thereto. The audio
analyser of the device 101 under testis configured toreceive the (analogue) electrical signal from each of the microphones
120a, 120b and to analyse these electrical signals.

[0039] During operation of the audio testing system 200, the audio test signal is generated in the device 101 under
test and is supplied to both of the loudspeakers 102a, 102b. The audio test signal is supplied alternately to the left and
right channel loudspeakers, so that both of the loudspeakers 102a, 102b can be tested at the same time, without the
sound emitted by one of the loudspeakers 102a, 102b masking or interfering with the sound emitted by the other of the
two loudspeakers. The microphones 120a, 120b pick up the sound generated by the loudspeakers 102a, 102b and
output an (analogue) electrical signal in response thereto, which is supplied back to the audio analyser of the device
101 under test for analysis. The audio analyser measures a level of distortion in the sound emitted by the loudspeakers
102a, 102b, which is total harmonic distortion. Thus the audio analyser looks for harmonics of the fundamental frequency
of each of the plurality of peaks in power output of the audio test signal, which are sequentially applied to the device
100 under test, and uses these to calculate the total harmonic distortion. The method of testing the loudspeakers 102a,
102b with the audio testing system 300 will be described in greater detail below, in relation to Fig. 5.

[0040] Fig. 4 schematically shows an example of an audio test signal, which may be used in the audio testing systems
200, 300 of Figs. 2 and 3. As may be seen in Fig. 4, the audio test signal comprises a plurality of peaks 400 in power
output at different frequencies. In this example, each peak 400 increases in power from a fundamental frequency and
then decreases smoothly at higher frequencies over a narrow waveband. Thus the shape of each peak is well defined
and their harmonics can be easily identified by analysis of the electrical signal received from one of the test microphones.
Since the fundamental frequencies of the peaks 400 are simple multiples of each other, the peaks 400 are applied
sequentially to avoid the harmonics from being masked.

[0041] Fig. 5 shows a method 500 of testing a loudspeaker of an audio device, which may be carried out using either
one of the audio testing system 200, 300 shown in Figs. 2 and 3. At box 501, the method 500 firstly comprises adjusting
an output volume of the audio device under test, such that the output volume of the audio device is initially substantially
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less than a maximum possible volume of the audio device. So, for example, if the device under test has a maximum
possible volume of 20 sound watts, the output volume of the device may initially be adjusted to be only 10 sound watts.
This significantly reduces the risk of one or more of the peaks 400 in power output of the audio test signal damaging the
loudspeaker during testing.

[0042] At box 502, the method then comprises applying the audio test signal to the device under test, so that a sound
is emitted from the loudspeaker in response to the audio test signal and that the sound is received from the loudspeaker
by a test microphone, which outputs an electrical signal in response to the sound, for analysis. At box 503, the electrical
signal is analysed and the level of distortion in the sound emitted by the loudspeaker is measured. If the level of distortion
is found to be less than or equal to a maximum acceptable level of distortion, the method then comprises, at box 504,
incrementally increasing the output volume of the audio device. The output volume of the device under test may be
incrementally increased by less than about 5% of the maximum possible output volume of the audio device. So, for
example, if the device under test has a maximum possible volume of 20 sound watts, the output volume of the device
may be increased by only 1 sound watt. Again, this significantly reduces the risk of one or more of the peaks 400 in
power output of the audio test signal damaging the loudspeaker during testing.

[0043] Once the output volume of the device under test has been incrementally increased in this way, the method
then comprises repeating the process of applying the audio test signal to the device under test, so that a sound is emitted
from the loudspeaker, receiving the sound with the microphone, outputting an electrical signal from the microphone and
analysing the electrical signal. This process is repeated, incrementally increasing the output volume of the audio device
each time, until the measured level of distortion is found to be greater than a maximum acceptable level of distortion.
The audio test signal is then stopped in box 505 to avoid damaging the loudspeaker. So, for example, if the maximum
acceptable level of distortion has previously been selected to be 3% THD, and the device under test has a maximum
possible volume of 20 sound watts, if the output volume of the device under test has been incrementally increased by
1 sound watt at a time until it reaches 17 sound watts, when the measured level of distortion is found to be 3.2% THD,
then the audio test signal will be stopped at an output volume of 17 sound watts.

[0044] In box 506, the method then comprises determining whether the output volume of the audio device is less than
a least acceptable value of the maximum volume of the audio device. If the output volume of the audio device is found
to be less than a least acceptable value of the maximum volume of the audio device, then in box 507, the loudspeaker
is rejected as being out of specification. On the other hand, if the output volume of the audio device is found to be not
less than the least acceptable value of the maximum volume of the audio device, then in box 508, the maximum volume
of the audio device is set to be equal to the output volume of the audio device when the measured level of distortion
was last less than or equal to the maximum acceptable level of distortion during the test.

[0045] So, for example, if a least acceptable value of the maximum volume of the audio device had previously been
selected to be 18 sound watts, whereas the audio test signal has been stopped at an output volume of 17 sound watts,
then the loudspeaker will be rejected as being out of specification. If, on the other hand, the least acceptable value of
the maximum volume of the audio device had previously been selected to be only 15 sound watts and the audio test
signal has been stopped at an output volume of 17 sound watts, then the maximum volume of the audio device will be
set to be equal to 16 sound watts, which was the last value of the output volume of the audio device during the test at
which the measured level of distortion was less than the 3% THD, which had previously been selected as the maximum
acceptable level of distortion.

[0046] In box 508, setting the maximum volume of the device under test to be equal to the output volume of the device
when the measured level of distortion was last less than or equal to the maximum acceptable level of distortion during
the test can be achieved in one of several different ways. In one possible embodiment, the maximum volume of the
device under test can be adjusted using a software module of the device under test. This can most easily be done in
the case of devices such as laptop or tablet computers and mobile phones. So, for example, a laptop computer may
start with a maximum possible volume, before testing, of 2 sound watts, but may be restricted as a result of testing to
emit sounds with a volume no greater than 1.8 sound watts by means of a suitably programmed software module of the
device. In an alternative possible embodiment, the maximum volume of the device under test can instead be adjusted
using a hardware component of the device under test, such as a rheostat or a loudspeaker protection circuit having
passive components of suitably chosen values, for example. This can most easily be done in the case of devices like
hi-fi equipment, televisions and home cinema systems. Thus, for example, a home cinema system may start with a
maximum possible volume, before testing, of 30 sound watts, but may be restricted as a result of testing to emit sounds
with a volume no greater than 28 sound watts by means of a suitably designed loudspeaker protection circuit.

[0047] In this way, the one or more loudspeakers which have been subjected to such testing can be protecting during
their subsequent usage against damage by never having to handle a peak power output which would result in a distortion
exceeding the previously selected maximum acceptable level of distortion.

[0048] On the other hand, if a loudspeaker is rejected as a result of testing for being out of specification, the rejected
loudspeaker can be removed from the device under test, replaced with another loudspeaker, and the same method of
testing can be repeated on the device until a loudspeaker which is in specification has been found and the maximum
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volume of the device has been adjusted accordingly.

[0049] The presentinvention also encompasses an audio device comprising at least one loudspeaker which has been
tested according to such a method as described above, and wherein the maximum volume of the audio device has been
adjusted as a result of the test.

[0050] In summary, therefore, the present invention provides a method of testing and protecting a loudspeaker in an
audio device under test which comprises the loudspeaker. The method at least comprises adjusting an output volume
of the device under test to be initially substantially less than a maximum possible volume of the audio device, applying
an audio test signal to the audio device, emitting a sound from the loudspeaker in response to the audio test signal,
receiving the sound from the loudspeaker with a test microphone, outputting an electrical signal from the microphone
in response to the sound, and analysing the electrical signal to measure a level of distortion in the sound emitted by the
loudspeaker. If the measured level of distortion is found to be less than or equal to a maximum acceptable level of
distortion, the method then comprises incrementally increasing the output volume of the audio device and repeating the
process of emitting a sound from the loudspeaker, receiving the sound with the microphone, outputting an electrical
signal from the microphone and analysing the electrical signal, until the measured level of distortion is greater than the
maximum acceptable level of distortion. Then the method comprises stopping the audio test signal, and determining
whether the output volume of the audio device is less than a least acceptable value of the maximum volume of the audio
device. If so, the method comprises rejecting the loudspeaker as out of specification. If not, the method comprises setting
the maximum volume of the audio device to be equal to the output volume of the audio device when the measured level
of distortion was last less than or equal to the maximum acceptable level of distortion. The method ensures that the
maximum volume of the audio device is set at a level below that at which damage to the loudspeaker can occur, whilst
also ensuring that the maximum volume of the audio device is set to be more than a least acceptable value, by rejecting
loudspeakers that are out of specification. The present invention also provides an audio testing system for carrying out
such a method, and an audio device comprising at least one loudspeaker, which has been tested according to such a
method.

Reference Numerals:

100 Device under test without analogue 500 Loudspeaker testing method
audio input
101 Device under test with analogue audio 501  Adjust volume of device under test to be very much
input less than maximum possible device volume
102a, 102b  Loudspeakers 502 Start test signal
503  Measure distortion
103 Digital signal input 504  Incrementally increase test volume
1043, 104b  Analogue audio signal input 505  Stop test signal
120, 120a, Test microphones 506  Compare test volume to least acceptable value of
120b maximum device volume
507 Reject loudspeaker
130 Audio analyser 508  Set maximum volume of audio device
140, 140a, Signal feedback line to device under test
140b
200, 300 Audio testing systems
400 Audio test signal peaks
Claims

1. An audio testing system (200, 300) at least comprising:

an audio device (100, 101) under test, wherein the device under test comprises at least one loudspeaker (102a,
102b) configured to receive an audio test signal and to emit a sound in response to the audio test signal;

at least one microphone (120, 120a, 120b) configured to receive the sound from the at least one loudspeaker
(102a, 102b) and to output an electrical signal in response thereto;

an audio analyser (130) configured to apply the audio test signal to the audio device (100,101) under test, to
receive the electrical signal from the at least one microphone (120, 120a, 120b) and to analyse the electrical
signal to measure a level of distortion in the sound emitted by the loudspeaker;

a signal feedback line (140, 140a, 140b) from the audio analyser (130) to the device under test; and
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means for adjusting an output volume of the audio device (100, 101) under test and setting a maximum volume
of the device under test;
characterized in that:

the means for adjusting an output volume of the audio device (100, 101) under test is configured to adjust
the output volume to be initially substantially less than a maximum possible volume of the audio device,
and to incrementally increase the output volume of the audio device if the level of distortion measured by
the audio analyser (130) is less than or equal to a maximum acceptable level of distortion until the audio
analyser (130) measures the level of distortion to be greater than the maximum acceptable level of distortion;
and

the audio analyser (130) is configured to stop the audio test signal when the level of distortion is greater
than the maximum acceptable level of distortion, then to determine whether the output volume of the audio
device is less than a least acceptable value of the maximum volume of the audio device, and if so, to reject
the at least one loudspeaker as out of specification, whereas if not, the means for adjusting an output
volume of the audio device under test is configured to set the maximum volume of the device under test to
be equal to the output volume of the audio device when the measured level of distortion was last less than
or equal to the maximum acceptable level of distortion.

An audio testing system (200) according to claim 1, wherein the audio device (100) under test is separate from the
audio analyser (130) and comprises at least one digital signal input (103) for receiving the signal feedback line (140)
from the audio analyser.

An audio testing system (300) according to claim 1, wherein the audio device (101) under test comprises the audio
analyser (130) and at least one analogue audio signal input (104a, 104b) connected thereto.

An audio testing system according to any one of claims 1 to 3, wherein the means for adjusting and setting a
maximum volume of the device under test comprises a software module of the device under test.

An audio testing system according to any one of claims 1 to 3, wherein the means for adjusting and setting a
maximum volume of the device under test comprises a hardware component of the device under test.

A method (500) of testing a loudspeaker, the method at least comprising:

adjusting (501, 504) an output volume of an audio device (100, 101) under test, wherein the device under test
comprises at least one loudspeaker (102a, 102b);

applying (502) an audio test signal to the audio device;

emitting a sound from the at least one loudspeaker (102a, 102b) in response to the audio test signal;
receiving the sound from the at least one loudspeaker (102a, 102b) with at least one microphone (120, 120a,
120b);

outputting an electrical signal from the microphone (120, 120a, 120b) in response to the sound; and
analysing (503) the electrical signal to measure a level of distortion in the sound emitted by the loudspeaker;
characterized by:

adjusting (501) the output volume of the audio device (100, 101) under test to be initially substantially less
than a maximum possible volume of the audio device; and

if the measured level of distortion is less than or equal to a maximum acceptable level of distortion, incre-
mentally increasing (504) the output volume of the audio device and repeating the process of emitting a
sound from the at least one loudspeaker, receiving the sound with the at least one microphone, outputting
an electrical signal from the microphone and analysing (503) the electrical signal, until the measured level
of distortion is greater than the maximum acceptable level of distortion; then

stopping (505) the audio test signal; and

determining (506) whether the output volume of the audio device is less than a least acceptable value of
the maximum volume of the audio device; and

if so, rejecting (507) the at least one loudspeaker as out of specification; whereas

if not, setting (508) the maximum volume of the audio device to be equal to the output volume of the audio
device when the measured level of distortion was last less than or equal to the maximum acceptable level
of distortion.
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7. A method according to claim 6, wherein the output volume of the audio device (100, 101) under test is initially
adjusted (501) to be less than two-thirds of the maximum possible output volume of the audio device.

8. A method according to claim 6 or claim 7, wherein the output volume of the audio device under test (100, 101) is
incrementally increased (504) each time by less than about 5% of the maximum possible output volume of the audio
device.

9. A method according to any one of claims 6 to 8, wherein the audio test signal comprises a plurality of peaks (400)
in power output at different frequencies.

10. A method according to claim 9, comprising applying the plurality of peaks (400) in power output to the device (100,
101) under test sequentially at the same output volume of the audio device as each other.

11. A method according to any one of claims 7 to 10, comprising generating the audio test signal and analysing (503)
the electrical signal outside the audio device (100) under test.

12. A method according to any one of claims 7 to 10, comprising generating the audio test signal and analysing (503)
the electrical signal in the audio device (101) under test.

13. A method according to any one of claims 7 to 12, wherein the distortion measured is total harmonic distortion.

14. A method according to any one of claims 7 to 13, further comprising, if the at least one loudspeaker is rejected (507)
as out of specification:

removing the rejected loudspeaker from the device (100, 101) under test;
replacing the removed loudspeaker with another loudspeaker; and
repeating the same method of testing on the device (100, 101) under test.

Patentanspriiche

1. Audiopriifsystem (200, 300), mindestens aufweisend:

eine zu prifende Audiovorrichtung (100, 101), wobei die zu priifende Vorrichtung mindestens einen Lautsprecher
(102a, 102b) aufweist, der dazu konfiguriert ist, ein Audioprifsignal zu empfangen und in Reaktion auf das
Audiopriifsignal einen Klang auszugeben;

mindestens ein Mikrofon (120, 120a, 120b), das dazu konfiguriert ist, den Klang von dem mindestens einen
Lautsprecher (102a, 102b) zu empfangen und in Reaktion darauf ein elektrisches Signal auszugeben;

eine Audioanalyseeinrichtung (130), die dazu konfiguriert ist, das Audiopriifsignal an die zu prifende Audio-
vorrichtung (100, 101) anzulegen, das elektrische Signal von dem mindestens einen Mikrofon (120, 120a, 120b)
zu empfangen und das elekirische Signal zu analysieren, um einen Verzerrungspegel in dem von dem Laut-
sprecher ausgegebenen Klang zu messen;

eine Signalrtickkopplungsleitung (140, 140a, 140b) von der Audioanalyseeinrichtung (130) an die zu prifende
Vorrichtung; und

Mittel zum Einstellen einer Ausgangslautstarke der zu prifenden Audiovorrichtung (100, 101) und zum Setzen
einer maximalen Lautstarke der zu prifenden Vorrichtung;

dadurch gekennzeichnet, dass:

das Mittel zum Einstellen einer Ausgangslautstarke der zu prifenden Audiovorrichtung (100, 101) dazu
konfiguriert ist, die Ausgangslautstarke so einzustellen, dass sie anfanglich wesentlich geringer als eine
maximal mégliche Lautstarke der Audiovorrichtung ist, und die Ausgangslautstarke der Audiovorrichtung
inkrementell zu erhéhen, wenn der von der Audioanalyseeinrichtung (130) gemessene Verzerrungspegel
kleiner oder gleich einem maximal annehmbaren Verzerrungspegel ist, bis die Audioanalyseeinrichtung
(130) einen Verzerrungspegel misst, der gréRer als der maximal annehmbare Verzerrungspegel ist; und

die Audioanalyseeinrichtung (130) dazu konfiguriert ist, das Audiopriifsignal zu stoppen, wenn der Verzer-
rungspegel grofler als der maximal annehmbare Verzerrungspegel ist, dann festzustellen, ob die Aus-
gangslautstarke der Audiovorrichtung kleiner als ein geringster annehmbarer Wert der maximalen Laut-
starke der Audiovorrichtung ist, und wenn das der Fall ist, den mindestens einen Lautsprecher als auRerhalb
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der Spezifikationsgrenzen liegend zu verwerfen, wahrend, wenn das nicht der Fall ist, das Mittel zum
Einstellen einer Ausgangslautstarke der zu priifenden Audiovorrichtung dazu konfiguriert ist, die maximale
Lautstarke der zu prifenden Vorrichtung auf einen Wert zu setzen, der gleich der Ausgangslautstarke der
Audiovorrichtung zu der Zeit ist, als der gemessene Verzerrungspegel das letzte Mal kleiner oder gleich
dem maximal annehmbaren Verzerrungspegel war.

Audiopriifsystem (200) gemaR Anspruch 1, wobei die zu priifende Audiovorrichtung (100) von der Audioanalysee-
inrichtung (130) getrennt ist und mindestens einen digitalen Signaleingang (103) zum Aufnehmen der Signalriick-
kopplungsleitung (140) von der Audioanalyseeinrichtung aufweist.

Audiopriifsystem (300) gemafR Anspruch 1, wobei die zu prifende Audiovorrichtung (101) die Audioanalyseeinrich-
tung (130) und mindestens einen damit verbundenen analogen Audiosignaleingang (104a, 104b) aufweist.

Audiopriifsystem gemaf einem der Anspriiche 1 bis 3, wobei das Mittel zum Einstellen und Setzen einer maximalen
Lautstarke der zu prifenden Vorrichtung ein Software-Modul der zu priifenden Vorrichtung beinhaltet.

Audiopriifsystem gemaf einem der Anspriiche 1 bis 3, wobei das Mittel zum Einstellen und Setzen einer maximalen
Lautstarke der zu prifenden Vorrichtung eine Hardware-Komponente der zu prifenden Vorrichtung beinhaltet.

Verfahren (500) zum Priifen eines Lautsprechers, wobei das Verfahren mindestens aufweist:

Einstellen (501, 504) einer Ausgangslautstarke einer zu priiffenden Audiovorrichtung (100, 101), wobei die zu
prifende Vorrichtung mindestens einen Lautsprecher (102a, 102b) aufweist;

Anlegen (502) eines Audioprifsignals an die Audiovorrichtung;

Ausgeben eines Klangs aus dem mindestens einen Lautsprecher (102a, 102b) in Reaktion auf das Audioprif-
signal;

Empfangen des Klangs von dem mindestens einen Lautsprecher (102a, 102b) mit mindestens einem Mikrofon
(120, 120a, 120b);

Ausgeben eines elektrischen Signals von dem Mikrofon (120, 120a, 120b) in Reaktion auf den Klang; und
Analysieren (503) des elektrischen Signals zum Messen eines Verzerrungspegels in dem von dem Lautsprecher
ausgegebenen Klang;

gekennzeichnet durch:

Einstellen (501) der Ausgangslautstarke der zu priifenden Audiovorrichtung (100, 101) auf wesentlich we-
niger als eine maximal mégliche Lautstarke der Audiovorrichtung; und

wenn der Verzerrungspegel kleiner oder gleich einem maximal annehmbaren Verzerrungspegel ist, inkre-
mentelles Erhdhen (504) der Ausgangslautstarke der Audiovorrichtung und Wiederholen des Vorgangs
des Ausgebens eines Klangs aus dem mindestens einen Lautsprecher, Empfangen des Klangs mit dem
mindestens einen Mikrofon, Ausgeben eines elektrischen Signals aus dem Mikrofon und Analysieren (503)
des elektrischen Signals, bis der gemessene Verzerrungspegel groRer als der maximal annehmbare Ver-
zerrungspegel ist; dann

Stoppen (505) des Audioprifsignals; und

Bestimmen (506), ob die Ausgangslautstarke der Audiovorrichtung kleiner als ein geringster annehmbarer
Wert der maximalen Lautstarke der Audiovorrichtung ist; und

wenn das der Fall ist, Verwerfen (507) des mindestens einen Lautsprechers als auerhalb der Spezifika-
tionsgrenzen liegend, wahrend,

wenn das nicht der Fall ist, Setzen (508) der maximalen Lautstarke auf einen Wert, der gleich der Aus-
gangslautstarke der Audiovorrichtung zu der Zeit ist, als der gemessene Verzerrungspegel das letzte Mal
kleiner oder gleich dem maximal annehmbaren Verzerrungspegel war.

Verfahren gemaf Anspruch 6, wobei die Ausgangslautstarke der zu priifenden Audiovorrichtung (100, 101) anfang-
lich so eingestellt (501) wird, dass sie kleiner als zwei Drittel der maximal mdglichen Ausgangslautstarke der Audi-
ovorrichtung ist.

Verfahren gemaR Anspruch 6 oder Anspruch 7, wobei die Ausgangslautstarke der zu priifenden Audiovorrichtung

(100, 101) jedes Mal um weniger als ungeféahr 5% der maximal méglichen Ausgangslautstéarke der Audiovorrichtung
inkrementell erhdht (504) wird.
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Verfahren gemafR einem der Anspriiche 6 bis 8, wobei das Audioprifsignal mehrere Peaks (400) in der Ausgangs-
leistung auf unterschiedlichen Frequenzen beinhaltet.

Verfahren gemaR Anspruch 9, aufweisend Anlegen der mehreren Peaks (400) in der Ausgangsleistung an die zu
prifende Vorrichtung (100, 101) nacheinander mit jeweils der gleichen Ausgangslautstarke der Audiovorrichtung.

Verfahren gemaf einem der Anspriiche 7 bis 10, aufweisend Erzeugen des Audioprifsignals und Analysieren (503)
des elektrischen Signals au3erhalb der zu priifenden Audiovorrichtung (100).

Verfahren gemaf einem der Anspriiche 7 bis 10, aufweisend Erzeugen des Audioprifsignals und Analysieren (503)
des elektrischen Signals in der zu prifenden Audiovorrichtung (101).

Verfahren gemaf einem der Anspriiche 7 bis 12, wobei die gemessene Verzerrung eine gesamte harmonische
Verzerrung ist.

Verfahren gemaf einem der Anspriiche 7 bis 13, ferner aufweisend, wenn der mindestens eine Lautsprecher (507)
als auBerhalb der Spezifikationsgrenzen liegend verworfen wird:

Entfernen des verworfenen Lautsprechers aus der zu priifenden Vorrichtung (100, 101);
Ersetzen des entfernten Lautsprechers durch einen anderen Lautsprecher; und
Wiederholen desselben Prifverfahrens an der zu prifenden Vorrichtung (100, 101).

Revendications

1.

2,

Systeéme de réalisation d’essais audio (200, 300), comprenant au moins :

un dispositif audio (100, 101) a I'essai, dans lequel le dispositif a 'essai comprend au moins un haut-parleur
(102a, 102b) configuré pour recevoir un signal d’essai audio et pour émettre un son en réponse au signal d’essai
audio ;

au moins un microphone (120, 120a, 120b) configuré pour recevoir le son a partir de I'au moins un haut-parleur
(102a, 102b) et pour sortir un signal électrique en réponse a celui-ci ;

un analyseur audio (130) configuré pour appliquer le signal d’essai audio sur le dispositif audio (100, 101) a
I'essai, pour recevoir le signal électrique a partir de I'au moins un microphone (120, 120a, 120b) et pour analyser
le signal électrique pour mesurer un niveau de distorsion dans le son émis par le haut-parleur ;

une ligne de rétroaction de signal (140, 140a, 140b) depuis I'analyseur audio (130) jusqu’au dispositif a I'essai ; et
des moyens pour ajuster un volume de sortie du dispositif audio (100, 101) a'essai etrégler un volume maximum
du dispositif a I'essai ;

caractérisé en ce que :

les moyens pour ajuster un volume de sortie du dispositif audio (100, 101) a I'essai sont configurés pour
ajuster le volume de sortie pour étre initialement sensiblement inférieur a un volume possible maximum du
dispositif audio, et pour augmenter incrémentalement le volume de sortie du dispositif audio si le niveau
de distorsion mesuré par I'analyseur audio (130) est inférieur ou égal a un niveau de distorsion maximum
acceptable jusqu’a ce que I'analyseur audio (130) mesure que le niveau de distorsion est supérieur au
niveau de distorsion maximum acceptable ; et

I'analyseur audio (130) est configuré pour arréter le signal d’essai audio lorsque le niveau de distorsion est
supérieur au niveau de distorsion maximum acceptable, puis pour déterminer le fait que le volume de sortie
du dispositif audio est ou non inférieur a une valeur la moins acceptable du volume maximum du dispositif
audio, et, dans l'affirmative, pour rejeter 'au moins un haut-parleur comme étant hors spécifications, alors
que, dans la négative, les moyens pour ajuster un volume de sortie du dispositif audio a I'essai sont
configurés pour régler le volume maximum du dispositif a I'essai pour étre égal au volume de sortie du
dispositif audio la derniére fois que le niveau de distorsion mesuré a été inférieur ou égal au niveau de
distorsion maximum acceptable.

Systeme de réalisation d’essais audio (200) selon la revendication 1, dans lequel le dispositif audio (100) a I'essai

est séparé de I'analyseur audio (130) et comprend au moins une entrée de signal numérique (103) pour recevoir
la ligne de rétroaction de signal (140) a partir de I'analyseur audio.
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Systeéme de réalisation d’essais audio (300) selon la revendication 1, dans lequel le dispositif audio (101) a I'essai
comprend I'analyseur audio (130) et au moins une entrée de signal audio analogique (104a, 104b) connectée a
celui-ci.

Systeéme de réalisation d’essais audio selon une quelconque des revendications 1 a 3, dans lequel les moyens pour
ajuster et régler un volume maximum du dispositif a I'essai comprennent un module de logiciel du dispositif a I'essai.

Systeme de réalisation d’essais audio selon une quelconque des revendications 1 a 3, dans lequel les moyens pour
ajuster et régler un volume maximum du dispositif a I'essai comprennent un composant de matériel du dispositif a
I'essai.

Procédé (500) de réalisation d’essais sur un haut-parleur, le procédé comprenant au moins :

I'ajustement (501, 504) d’'un volume de sortie d’un dispositif audio (100, 101) a I'essai, dans lequel le dispositif
a I'essai comprend au moins un haut-parleur (102a, 102b) ;

I'application (502) d’un signal d’essai audio sur le dispositif audio ;

I'émission d’un son a partir de I'au moins un haut-parleur (102a, 102b) en réponse au signal d’essai audio ;

la réception du son a partir de I'au moins un haut-parleur (102a, 102b) avec au moins un microphone (120,
120a, 120b) ;

la sortie d’'un signal électrique a partir du microphone (120, 120a, 120b) en réponse au son ; et

'analyse (503) du signal électrique pour mesurer un niveau de distorsion dans le son émis par le haut-parleur ;
caractérisé par :

I'ajustement (501) du volume de sortie du dispositif audio (100, 101) a I'essai pour étre initialement sensi-
blement inférieur a un volume possible maximum du dispositif audio ; et

si le niveau de distorsion mesuré est inférieur ou égal a un niveau de distorsion maximum acceptable,
'augmentation incrémentale (504) du volume de sortie du dispositif audio et la répétition du processus de
I'émission d’'un son a partir de 'au moins un haut-parleur, de la réception du son avec I'au moins un
microphone, de la sortie d’'un signal électrique a partir du microphone et de 'analyse (503) du signal
électrique, jusqu’a ce que le niveau de distorsion mesuré soit supérieur au niveau de distorsion maximum
acceptable ; puis

I'arrét (505) du signal d’essai audio ; et

la détermination (506) du fait que le volume de sortie du dispositif audio est ou non inférieur a une valeur
la moins acceptable du volume maximum du dispositif audio ; et

dans I'affirmative, le rejet (507) de I'au moins un haut-parleur comme étant hors spécifications ; alors que,
dans la négative, le réglage (508) du volume maximum du dispositif audio pour étre égal au volume de
sortie du dispositif audio la derniére fois que le niveau de distorsion mesuré a été inférieur ou égal au niveau
de distorsion maximum acceptable.

Procédé selon la revendication 6, dans lequel le volume de sortie du dispositif audio (100, 101) a I'essai est initia-
lement ajusté (501) pour étre inférieur a deux-tiers du volume de sortie possible maximum du dispositif audio.

Procédé selon la revendication 6 ou la revendication 7, dans lequel le volume de sortie du dispositif audio a I'essai
(100, 101) estincrémentalement augmenté (504) a chaque fois de moins d’environ 5 % du volume de sortie possible
maximum du dispositif audio.

Procédé selon une quelconque des revendications 6 a 8, dans lequel le signal d’essai audio comprend une pluralité
de crétes (400) de puissance sortie a différentes fréquences.

Procédé selon la revendication 9, comprenant I'application de la pluralité de crétes (400) de puissance sortie sur
le dispositif (100, 101) a I'essai séquentiellement au méme volume de sortie du dispositif audio les unes par rapport

aux autres.

Procédé selon une quelconque des revendications 7 a 10, comprenant la génération du signal d’essai audio et
'analyse (503) du signal électrique a I'extérieur du dispositif audio (100) a I'essai.

Procédé selon une quelconque des revendications 7 a 10, comprenant la génération du signal d’essai audio et
'analyse (503) du signal électrique dans le dispositif audio (101) a I'essai.

13



10

15

20

25

30

35

40

45

50

55

EP 3 370 438 B1

13. Procédé selon une quelconque des revendications 7 a 12, dans lequel la distorsion mesurée est une distorsion
harmonique totale.

14. Procédé selon une quelconque des revendications 7 a 13, comprenant en outre, si 'au moins un haut-parleur est
rejeté (507) comme étant hors spécifications :

I'enléevement du haut-parleur rejeté a partir du dispositif (100, 101) a I'essai ;

le remplacement du haut-parleur rejeté avec un autre haut-parleur ; et
la répétition du méme procédé de réalisation d’essais sur le dispositif (100, 101) a I'essai.
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