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CHANNEL MONITORING FOR IMPROVED 
PARAMETER SELECTION IN A 
COMMUNICATION SYSTEM 

[0001] This application claims priority under 35 USC § 
119(e)(1) of Provisional Application Ser. No. 60/360,494 
?led Feb. 28, 2002. Additional coassigned patent applica 
tions also claim priority from this Provisional Application. 

FIELD OF THE INVENTION 

[0002] This invention generally relates to communication 
systems, and more speci?cally to systems and methods for 
improving parameter selection. 

BACKGROUND OF THE INVENTION 

[0003] The goal of modern communication systems is to 
provide their operator the best of all Worlds. In severe 
channel conditions it is desirable to provide sophisticated 
coding schemes and robust transmission at the expense of 
achieved capacity. In moderate channels conditions it is 
desirable to provide maximal throughput at the expense of 
robustness to channel impairments. As a result, the need to 
provide operators the option to address such a diverse set of 
channels led many contemporary common standards to 
include a Wide variety of transmission parameters. 

[0004] The alloWed transmission parameters may include 
different modulation types, constellation siZes and baud 
rates. Transmission poWer may be an important parameter, 
as Well as the carrier frequency used. Different error cor 
rection schemes can be used such as Reed Solomon (RS) 
codes, Convolutional codes (such as Trellis Coded Modu 
lation (TCM) codes and Turbo codes) and concatenated 
codes. Different coding rates can be used. Interleaving can 
be used in order to introduce time diversity. In such a case, 
a tradeolf betWeen required interleaver effect and the added 
processing delay is usually taken into consideration. A 
training sequence may be used. In that case, it is desirable to 
properly choose the spectral characteriZation of the training 
sequence, its length, poWer, and constellation. All the pos 
sibilities described above may be alloWed in a single com 
munication system. 

[0005] Various examples of common communication sys 
tems that alloW a subset of the above possibilities are 
described beloW. The data over cable service interface 
speci?cation (DOCSIS) 2.0 standard for the upstream chan 
nel is an example of a standard providing the user substantial 
tools to accommodate various channel impairments. The 
Wireless LAN 802.11 standard, With its various ?avors, 
offers the use of several transmission parameters, such as 
center frequency modulation scheme (Barker/CCK/PBCC/ 
OFDM), transmission rate, transmission poWer, and pre 
amble properties. Due to the typical Wireless channel param 
eters it is extremely important to identify the channel 
conditions and make a decision accordingly about What 
transmission parameters to use. The home phone line net 
Working alliances (HPNA) 2.0 standard alloWs use of a 
variety of constellations (QPSK-256QAM) and different 
baud-rates (2 Mbaud or 4 Mbaud). This results in an 
achievable throughput of 4 Mbit/ sec up to 32 Mbit/sec, as a 
function of the channel conditions. Another example of a 
communication system that provides numerous transmission 
parameters is the telephony V34 modem. This modern 
provides the ability to use various constellations (from 
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QPSK to over 1500 constellation points), six baud rates, 
center frequencies (tWo options for each baud rate), constel 
lation shaping, control of the transmission poWer, the use of 
training sequence (TRN), and also provides tools to mitigate 
non-linear distortions. Dedicated signals are provided for 
channel characteristic analysis. These signals include train 
ing sequence (TRN), frequency comb (L1, L2), Mean 
Square Error (MSE) measurements and more. 

[0006] After several years of ongoing debate, cable opera 
tors have selected advanced time division multiple access 
(A-TDMA) and synchronous code division multiple access 
(S-CDMA) as the upstream modulations in the DOCSIS 2.0 
speci?cation. Both of these technologies Were also included 
in the IEEE 802.14a speci?cation. These technologies offer 
cable operators the opportunity to better utiliZe their cable 
infrastructure and to generate more revenue from increased 
use of the cable netWork upstream spectrum. DOCSIS 2.0 
offers operators poWerful tools to mitigate common channel 
impairments and spectrally e?icient modulations to maxi 
miZe the throughput in the bandWidth-limited upstream 
channel. HoWever, the many tools in DOCSIS 2.0 make the 
selection of transmission parameters extremely dif?cult in 
comparison to DOCSIS 1.0, With the performance of DOC 
SIS 2.0 systems greatly depending on the choice of these 
parameters. 

[0007] A-TDMA is essentially an evolution of DOCSIS 
1.0. It extends the physical layer of DOCSIS 1.0/1.1 With the 
folloWing enhancements: 1) Additional constellations: 
8-QAM, 32-QAM and 64-QAM. This alloWs an increase in 
spectral ef?ciency by as much as 50 percent in good quality 
channels and provides more increments in spectral ef?ciency 
for ?ner matching of data rate With existing channel SNR. 2) 
Additional Symbol Rate: 5.12 MB (Mega Baud). This 
reduces the number of receivers required at the headend for 
a given plant by a factor or tWo and improves netWork 
ef?ciency due to statistical multiplexing of more users in an 
upstream channel. 3) A byte interleaver to spread the effect 
of impulse and burst noise over time. 4) Improved error 
correction codes. DOCSIS 2.0 extends the maximum error 
protection ability of DOCSIS 1.0’s Reed-Solomon FEC 
from 10 byte errors to 16 byte errors, providing greater 
robustness to burst and impulse noise. 5) An improved 
pre-equaliZer for mitigating multipath distortions. 

[0008] S-CDMA adds to the above enhancements a 
spreader that provides greater immunity to severe cases of 
impulse noises, and Trellis Coded Modulation, Which 
improves performance for White noise and additional con 
stellation of 128 QAM. When in S-CDMA mode, there is no 
byte interleaver as described above. Instead, an S-CDMA 
framer introduces time (as Well as code) diversity. S-CDMA 
calls for much stricter timing requirements in order to 
maintain code diversity, alloWing for the elimination of 
guard time betWeen data packets. 

[0009] The goal of modern communication systems is to 
be robust While maximiZing achieved capacity. To achieve 
this goal many standards alloW the use a variety of coding 
schemes, constellations, error coding capabilities and other 
transmission parameters. The actual transmission param 
eters in use should be tailored to the actual channel condi 
tions. HoWever, in current systems, operators tend to choose 
overly robust transmission parameters just to be on the safe 
side. This results in an inefficient use of bandWidth, and a 
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substantial decrease in capacity. In fact, standards such as 
DOCSIS 2.0 Will only provide signi?cant bene?ts to opera 
tors if and When systems make proper use of the many tools 
in this standard. Hence, there is a need for methods and 
systems that analyze channel impairments and determine the 
optimal transmission parameters accordingly. 

SUMMARY OF THE INVENTION 

[0010] In general, and in a form of the present invention 
methods and systems for automatically improving through 
put of an active channel in a communication system. An 
exemplary method includes: receiving input from one or 
more modules that identify and characterize impairments in 
the active channel; monitoring the input to track changes in 
the impairments; and changing channel parameters to 
improve throughput on the channel based on the changes in 
the impairments. In another exemplary method, a method is 
provided to automatically estimate channel throughput if a 
different order constellation from current constellation size 
is used in a communication system including the steps of: 
receiving input from one or more modules that identify and 
characterize impairments in the channel; analyzing the 
impairments to generate statistics on occurrences of impair 
ments; choosing a neW constellation size; and estimating 
channel throughput for the neW constellation size based on 
the statistics on occurrences of impairments. An exemplary 
method to automatically optimize channel throughput using 
current constellation size in a communication system having 
a plurality of parameters and a current data rate is also 
provided and may include the steps of: receiving input from 
one or more modules that identify and characterize impair 
ments in the channel; analyzing the impairments to generate 
statistics on occurrences of impairments; choosing neW 
forward error correction parameters different from current 
forward error correction parameters; choosing a frame error 
target; estimating a neW frame error rate and a neW data rate 
for the neW forWard correction parameters based on the 
impairments; and replacing the current forWard error cor 
rection parameters With the neW forWard error correction 
parameters if the neW data is greater than the current data 
rate and the neW frame error rate is loWer than the frame 
error target. In yet another exemplary method, a method to 
automatically monitor and optimize channel performance in 
a communication system having a plurality of parameters in 
provided and may include the the steps of: receiving input 
from the channel, the input having a data rate and a frame 
error rate; comparing the current frame error rate to a frame 
error target; and modifying the parameters if the frame error 
rate is greater than the frame error target such that the frame 
error rate is less than or equal to the frame error target and 
the data rate is optimized. Various embodiments of these 
exemplary methods are also disclosed. Methods and systems 
of the present invention are provided that may be utilized in 
various transmission scenarios. The present invention may 
be applied, for example, to receivers, front-ends, transmit 
ters, transceivers and other elements of communication 
system. Other methods and systems are also disclosed. 

BRIEF DESCRIPTION OF THE DRAWINGS 

[0011] Particular embodiments in accordance With the 
invention Will noW be described, by Way of example only, 
and With reference to the accompanying draWings in Which 
like reference signs are used to denote like parts, and in 
Which: 
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[0012] FIG. 1 is a block diagram of an embodiment of the 
present invention; 

[0013] FIG. 2 is a system diagram of an embodiment of 
the present invention; 

[0014] FIG. 3 is an exemplary implementation of a loW 
level analyzer of the present invention; 

[0015] FIG. 4 is an exemplary implementation of a time 
domain analyzer of the present invention; 

[0016] FIG. 5 is an exemplary implementation of the 
present invention for a system for allocating QAM signals; 

[0017] FIG. 6 is an exemplary implementation of an INCA 
analyzer of the present invention; 

[0018] FIG. 7 is an exemplary implementation of an 
energy calculator of the present invention; 

[0019] FIG. 8 is an exemplary implementation of an 
energy detection method of the present invention; 

[0020] FIG. 9 is an exemplary implementation of a slicer 
of the present invention; 

[0021] FIG. 10 illustrates an embodiment of a soft deci 
sion method of the present invention; 

[0022] FIG. 11 is an exemplary implementation of a soft 
decision method of the present invention; 

[0023] FIG. 12 is an exemplary implementation of an 
interleaver of the present invention; 

[0024] FIG. 13 illustrates an embodiment of an interleaver 
approach of the present invention; 

[0025] FIG. 14 is an exemplary implementation of a 
histogram generator unit of the present invention; 

[0026] FIG. 15 is a block diagram and state machine of an 
exemplary implementation of a RS histogram (With inter 
leaver/deinterleaver) of the present invention; 

[0027] FIG. 16 is a block diagram and state machine of an 
exemplary implementation of a RS histogram (Without inter 
leaver/deinterleaver) of the present invention; 

[0028] FIG. 17 is a block diagram and state machine of an 
exemplary implementation of a sequence histogram of the 
present invention; 

[0029] FIG. 18 is an exemplary implementation of a 
Symbol2Byte module of the present invention; 

[0030] FIG. 19 illustrates a system block diagram of an 
alternative embodiment of the present invention; 

[0031] FIG. 20 illustrates simulation results of an 
upstream channel spectrum using an embodiment of the 
present invention; and 

[0032] FIG. 21 illustrates simulation results of an alloca 
tion of 1-4 upstream channels using an embodiment of the 
present invention. 

[0033] Corresponding numerals and symbols in the dif 
ferent ?gures and tables refer to corresponding parts unless 
otherWise indicated. 
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DETAILED DESCRIPTION OF EMBODIMENTS 
OF THE INVENTION 

[0034] Although the invention ?nds particular application 
to and is described in relation to upstream communication in 
cable system it also ?nds application to other forms of 
communication such as doWnstream communication and 
applications besides cable. Although speci?c embodiments 
address optimizing receiver parameters, the present inven 
tion ?nds application to optimiZing other transmission 
parameters of a communication system. 

[0035] In general, communication systems today lack the 
ability to dynamically analyZe channel conditions and to 
automatically choose transmission parameters accordingly. 
This is particularly true for broadband communication sys 
tems that are relatively less mature. For example, a neW 
generation of DOCSIS 2.0 cable modem and cable modem 
termination systems (CMTS) offer cable operators the prom 
ise of increased upstream capacity and greater robustness to 
common channel impairments such as ingress and impulse 
noise. It is already clear that the many tools in the neW 
DOCSIS 2.0 standard that alloW for ef?cient use of the 
upstream spectrum and mitigation of impairments also make 
the task of optimiZing transmission parameters increasingly 
dif?cult. In fact, the performance of a DOCSIS 2.0 based 
CMTS Will greatly depend on its ability to dynamically 
assess upstream channel conditions and set the transmission 
parameters accordingly. In general, the ef?cient use of the 
tools provided in various standards such as HPNA and 
DOCSIS 2.0 requires an adaptive mechanism as provided by 
the present invention to analyZe and track varying channel 
conditions. 

[0036] The present invention provides methods and sys 
tems to optimally allocate neW channels to use, to determine 
What transmission parameters should be used in order to 
achieve maximal channel throughput and to automatically 
adapt the transmission parameters to varying channel con 
ditions. This approach eliminates the need to assume Worst 
case scenario (i.e., loW constellation, strong FEC) When 
unnecessary. 

[0037] In the present invention a technology is provided, 
in various embodiments, Which measures the impairments in 
the upstream channel and sets the transmission parameters 
for maximum throughput based on time-domain and fre 
quency-domain analysis. In the upstream embodiments pro 
vided herein the technology is referred to as Digital 
Upstream Channel AnalyZer (DUCATM). 
[0038] The cable network upstream channel is usually the 
Weakest link in the cable netWork infrastructure. Given the 
tree-and-branch topology of the cable netWork, noise and 
interferences from the entire netWork are accumulated at the 
headend. Common upstream impairments include the fol 
loWing noise sources: 1) White noise generated by active 
components in the netWork. 2) NarroWband ingress noise, 
typically generated by other transmitters such as amateur 
radio signals or resulting from Common Path Distortion. 3) 
High rate impulse noise originating from electric current. 
These impulses are short, typically less than one microsec 
ond duration, and have a repetition rate of betWeen several 
hundred to a feW thousand occurrences per second. 4) LoW 
rate Wideband burst noise originating from several sources 
including electrical appliances in homes and laser clipping. 
These bursts could occur as frequently as every 10-20 
seconds and could last as long as 10-50 microseconds. 
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[0039] In addition to the noise sources described above, 
the upstream signal is subject to multi-path re?ections due to 
impedance mismatch of the plant’s components and unter 
minated cables. The present invention provides, in various 
embodiments, methods and systems for optimal channel 
allocation and selection of transmission parameters. DUCA 
analyZes the entire upstream spectrum, measures and 
records noise and impairment conditions, and sets the 
parameters of the various noise mitigating tools optimally 
for maximum upstream throughput. Proper selection of 
parameters, using DUCA, ensures that operators Will bene?t 
signi?cantly from the neW improved upstream PHY. 

[0040] DOCSIS 2.0 provides a neW challenge in setting 
transmission parameters. While DOCSIS 1.0 provided 
operators With some limited ?exibility in setting transmis 
sion parameters to match the varying channel conditions, in 
practice, parameters remained relatively static. Without the 
ability to track dynamic changes in the plant, operators had 
no choice but to set transmission parameters to the most 
robust mode (QPSK, Reed Solomon T=10) to accommodate 
Worst-case scenarios. With penetration still loW, such inef 
?cient use of the upstream spectrum could be tolerated. 
Without ingress cancellation available to them, operators 
Would typically set the frequency manually to ensure the 
transmission signals are Within a region With little or no 
ingress. The more sophisticated CMTSs could automatically 
identify that ingress is interfering With the data signal and 
automatically shift modems to a different upstream fre 
quency With no interference. 

[0041] DOCSIS 2.0 requires a much more sophisticated 
setting mechanism. First, there are many parameters to play 
With, such as modulation type (A-TDMA or S-CDMA), 
constellation, baud-rate, transmission poWer, preamble 
length and type, center frequency, error correction capabil 
ity, interleaver parameters, spreader parameters and number 
of active codes in S-CDMA mode. Second, the premise of 
DOCSIS 2.0 is that the upstream traf?c is signi?cantly 
higher, With upstream channel throughput closer to capacity, 
leaving less room in the spectrum to avoid interferences, and 
making it crucial to ef?ciently utiliZe the channel spectrum. 

[0042] The ?rst step in setting optimal parameters is 
measuring channel conditions and detecting interferences. 
The most common tool in current CMTSs is upstream 
spectral analysis. Using Wideband sampling and PET, or 
alternatively using a frequency-sweeping ?lter, the upstream 
spectrum can be measured, identifying frequencies With 
ingress. This spectrum measurement is typically used to ?nd 
ingress free regions for the data signals. HoWever, With 
ingress cancellation technology INCATM (INgress CAncel 
lation-INcreased CApacity) burst receiver, avoiding the 
ingresses is no longer necessary. While transmitting in an 
ingress free region is alWays desirable, a clean spectrum 
block, Which is Wide enough to accommodate the highest 
baud-rate, is not alWays available. In such cases a CMTS 
needs to make a decision on Whether to reduce baud rate, 
alloWing the signal to ?t betWeen other signals and inter 
ferences or to maintain the high baud rate and to cancel the 
interference With ingress cancellation technology. Given that 
ingress cancellation techniques alloW for operation in nega 
tive C/I ratios (i.e. ingress that is stronger than the data 
signals), it is foreseeable that in many cases the parameter 
setting mechanism Will determine that maintaining the 
higher baud rate While overlapping the ingress Will result in 
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higher throughput than if the baud rate Were reduced and the 
ingress avoided. Ingress cancellation technology and the 
neW modes of operation in DOCSIS 2.0 have transformed 
the traditional spectrum analysis of ?nding ingress free 
regions into a more complex optimization problem of setting 
baud rate, center frequency, constellation, coding and other 
parameters to maximiZe upstream throughput given the 
constraints of available spectrum, detected ingress and the 
performance of the ingress cancellation technology. Further 
more, as channel conditions change, these transmission 
parameters need to be adapted to the neW environment. 
Tracking spectrum changes in an upstream channel densely 
occupied With data signals, and having to change in some 
cases the center frequency, baud rate and other transmission 
parameters of multiple upstream data signals concurrently in 
order to achieve higher throughput makes this ongoing 
optimiZation problem particularly challenging. 

[0043] DOCSIS 2.0 provides neW tools for mitigating 
impulse and burst noise, such as: byte interleavers, stronger 
Reed Solomon error correction, and S-CDMA spreading. In 
order to avoid unnecessary Waste of bandWidth on a spec 
trally ine?icient constellation or on coding overhead, the 
DOCSIS 2.0 CMTS needs to dynamically track impulse 
levels, and to optimally set the relevant parameters accord 
ingly. Impulse strength, as Well as impulse frequency and 
arrival statistics can be determined by employing various 
poWer detectors, Which measure the signal level during quiet 
periods or in adjacent unoccupied frequencies. Finding quiet 
periods of time or unoccupied frequencies for measuring 
impulses may not be easy When operating close to channel 
capacity. In such cases the CMTS may have to regularly 
block time slots for impulse detection. To avoid Wasting 
bandWidth on impulse detection, impulses can also be 
detected by analyZing decision errors, hoWever this method 
is problematic since error measurements Will be erroneous 
during impulse occurrences (because the error measurement 
relies on an incorrect decision). To overcome this problem, 
transmitted symbols and decision errors can be estimated by 
re-encoding corrected data bits after the Reed Solomon 
decoder. HoWever, this results in a relatively complex algo 
rithm. 

[0044] A DOCSIS 2.0 CMTS has multiple tools for 
impulse mitigation. The spreading function of S-CDMA 
spreads the effect of the impulse over time and over the code 
space. This is a useful tool When impulse levels are limited, 
hoWever if the impulse is very strong, spreading may 
actually decrease performance by causing multiple errors 
from every impulse (due to spreading) instead of taking the 
hit only once. In addition to spreading, Reed Solomon 
parameters are also candidates for adjusting based on mea 
sured impulse rates. Less intuitive, is the choice of baud-rate 
and constellation. Traditionally, the most common reaction 
to impulse noise in the channel is reducing baud-rate and 
reducing the constellation siZe, Which indeed makes the 
signal more robust to moderate impulses. HoWever, this 
comes at the expense of upstream throughput. A better 
approach may actually be to transmit at a high baud-rate 
using one of the larger constellations, thereby alloWing more 
coding information, Which Will enable impulse mitigation 
With Reed Solomon coding. Various factors such as impulse 
poWer, impulse frequency and upstream channel utiliZation 
Will affect the choice of these transmission parameters. 
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[0045] The tools for mitigating burst noise are generally 
the same ones used for impulse noise. Spreading provides 
good immunity to long bursts of noise. Reducing baud-rate 
can provide very strong immunity to very long burst noise 
even Without spreading. HoWever, given that long bursts 
(over 10 microsecond) are relatively rare, it may be better to 
transmit at high spectral ef?ciency With little coding over 
head and sacri?ce the occasional data packet instead of 
using a more robust mode With loWer throughput. These are 
some of the trade-offs that the channel analysis function of 
the present invention, for example, in a DOCSIS 2.0 CMTS 
preferably considers When setting transmission parameters. 

[0046] A common impairment is added White noise. 
Exemplary approaches for dealing With White noise are 
setting the constellation siZe based on SNR measured With 
the upstream spectral analysis or by observing soft and hard 
decisions. Reed Solomon coding parameters (RS Word 
length and number of correctable bytes) are also preferably 
set according to the measured SNR. When the SNR is loW, 
a DOCSIS 2.0 CMTS may choose also to reduce the number 
of active codes in S-CDMA mode, or equivalently, to reduce 
the baud rate in A-TDMA mode and to allocate higher 
spectral density to the reduced baud-rate signal. In both of 
these cases, modems can operate at very loW SNRs. 

[0047] A greater challenge for the DOCSIS 2.0 CMTS is 
When it is faced With the task of mitigating different types of 
noise simultaneously, especially When the optimal choice of 
parameters for each impairment are very different. For 
example, When ingress is combined With burst noise, the 
DOCSIS 2.0 CMTS needs to choose betWeen a higher 
baud-rate that Will improve the performance of the ingress 
cancellation, or a loWer baud rate for greater immunity to 
long bursts. It needs to decide Whether spreading Will be 
used, providing greater immunity to bursts, but at the same 
time making ingress cancellation more difficult. AnalyZing 
the mix of impairments, understanding the trade-offs and 
selecting the compromise set of parameters, Which Will 
provide optimal robustness to the measured impairment, 
While at the same time maximiZing throughput, is a role of 
the parameter decision function of the present invention that 
may be implemented in a DOCSIS 2.0. 

[0048] DOCSIS 2.0 gives cable operators a multitude of 
transmission parameters to de?ne, such as modulation type 
(A-TDMA or S-CDMA), constellation, baud-rate, transmis 
sion poWer, preamble length and type, center frequency, 
error correction capability, interleaver parameters, spreader 
parameters and number of active codes in S-CDMA mode. 
Maximal channel throughput can be achieved by using 
mechanisms that optimally track and analyZe the varying 
channel conditions and set the transmission parameters for 
optimal performance. The present invention provides meth 
ods and systems for optimal use of the many tools provided 
by standards such as DOCSIS 2.0. In an embodiment, 
DUCA is a functional block in a DOCSIS 2.0 CMTS 
dedicated to upstream channel measurement and analysis 
and optimal parameter selection. DUCA may perform time 
domain and frequency-domain analysis, as described herein, 
and dynamically set transmission parameters for optimal use 
of the upstream channel. As data tra?ic increases, the 
channel analysis and optimal selection of parameters as 
provided in the present invention become even more impor 
tant to realiZe the full potential of channels. 
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[0049] As mentioned above, the cable upstream channel 
suffers from various impairments such as impulse, burst, 
ingress and White gaussian noises. In order to achieve 
maximal throughput the upstream standard (e.g., DOCSIS 
2.0) gives substantial ?exibility to the Multiple System 
Operators (MSOs) to combat those impairments. This ?ex 
ibility includes the ability to choose the type of transmission 
used (A-TDMA or S-CDMA), Baud-rate, constellation type 
used, variable forWard error correction (FEC) capabilities, 
transmission poWer, preamble length and type and interleav 
ing capabilities. Extra ?exibility may be added using various 
Texas Instruments inventions, Which include characteriza 
tion of INCATM (see copending patent application Ser. Nos. 
09/392,598 and 09/302,872 incorporated herein by refer 
ence) split-preamble (see copending patent application Ser. 
No. 09/858,116 incorporated herein by reference) and other 
internal variables. The ability to reliably identify and ana 
lyze the channel impairments is required. Otherwise, a 
“Worst case” scenario is taken resulting in inefficient use of 
standard capabilities and channel capacity. The Digital 
Upstream Channel Analyzer (DUCA), described as an 
embodiment of the present invention herein, provides a fully 
automated tool that alloWs the MSOs to maximize total 
upstream data throughput. 

[0050] A general block diagram of an embodiment of the 
DUCA concept of the present invention is shoWn in FIG. 1. 
In an embodiment, DUCA 10 includes tWo main hierarchies 
12,14. The ?rst involves impairments characterization also 
referred to as loW level analysis 12. Various embodiments 
are provided herein that describe modules to characterize the 
impairments that affect the channel. It includes frequency 
domain analysis (for characterization, for example, of 
ingress and White gaussian noise (WGN)) and time domain 
analysis (for characterization, for example, of burst, 
impulse, White gaussian noise and other impairments). 
Analysis is performed based on the actual received upstream 
signal based on dedicated hardWare (HW) hooks integrated 
Within the receiver. The analysis performed is able to take 
into account the actual receiver capabilities. While the 
analyses described herein are primarily presented in the 
context of applicability to the A-TDMA standard, various 
other embodiments of the present invention that Would be 
applicable to other relevant standards, such as S-CDMA, 
Will be apparent to persons skilled in the art upon reference 
to the descriptions provided herein. 

[0051] The second main hierarchy 14 of DUCA 10 
involves analysis and recommendations also referred to as 
high or top level analysis. Various embodiments are pro 
vided herein that describe modules to receive as an input the 
impairments characterization 30 obtained by the loW-level 
analysis as Well as out of band information (OOB) 28, such 
as required packet error rate, required throughput etc. Some 
of those tools are determined in the DOCSIS standard in 
What is called a “burst pro?le”. This section processes the 
input data 28, 30 resulting in recommended burst parameters 
34 for throughput maximization. 

[0052] The overall system concept of the cable plant 40 
including DUCA 10 is shoWn in FIG. 2. In an embodiment, 
the DUCA 10 is a part of the CMTS 44 solution. Its input is 
the upstream band and its output is characterizations and 
recommendations for upstream optimization. An optional 
upstream transmitter 46 (“DUCA CM”) may be added so 
that upstream burst pro?les can be easily controlled. 
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[0053] The loW-level analyzer 12 preferably includes HW 
hooks integrated Within the receiver. They are used to 
identify and characterize the channel impairments. This 
information is passed to the high-level analyzer 14 for 
further processing. The outcome is burst pro?le recommen 
dations 34 and internal parameters tuning to achieve maxi 
mal channel throughput for a given packet error rate require 
ment. In an embodiment, the loW-level analysis 12 may 
perform three major analyses, as shoWn in FIG. 3. 

[0054] In a ?rst analysis, the spectrum analyzer 16 esti 
mates the spectrum of the input signal. It may include the 
folloWing properties. Spectral estimation may be done using 
Fast Fourier Transform (EFT) or other spectral estimation 
techniques. Spectral estimation may be implemented 
directly upon an analog to digital (A2D) output resulting in 
spectral analysis of the full upstream band. Alternatively, 
spectral estimation may also be implemented on a decimated 
input signal. The A2D 72 output signal may be decimated 
using one or more decimating ?lters, Which may be included 
in the digital front end 74 of the receiver 54. Alternatively, 
a dedicated digital front end 104 may be added to the 
implementation in order to provide the ability to periodically 
scan the upstream band and implement the FFT algorithm 
only on part of the upstream band each time. This may 
reduce the required FFT size. For example, assuming the 
decimated signal occupies l/X of the frequency range of the 
signal at the A2D output. We can implement a PET Which is 
X times smaller than the one required upon the A2D output 
and still achieve the same spectral resolution. The FFT input 
may be a decimated signal after variable decimating stages 
thereby achieving a tradeolf betWeen scanning time and 
spectral resolution. In order to reduce estimation variance, 
knoWn spectral estimation methods, such as Periodogram 
spectral estimation, Welch spectral estimation etc, can be 
used. A shaping WindoW may multiply the input signal in 
order to achieve required spectral analysis properties. 

[0055] In an embodiment, the time domain analyzer 20 
may characterize various channel impairments such as 
impulse, burst and White gaussian noises. Exemplary meth 
ods are shoWn in FIG. 3 and FIG. 4. The output of each 
method may be a binary vector estimating Which of the input 
symbols (Energy detection 60/ soft decision 62 methods) or 
bytes (RS feedback 64) is erred/suspected of being erred. 
Another output is the signal poWer level estimation 60 at 
various locations of the data ?oW. This vector may be fed to 
the histogram generator unit 66 for additional processing 
before data is passed to the high-level analysis 14, as 
explained beloW. FIG. 4 shoWs a block diagram of the 
time-domain analyzer 20. A typical structure of a receiver 54 
is depicted shoWing relevant inputs for each exemplary time 
domain analyzer 20 method. 

[0056] The energy detection method 60 identi?es impulse 
and burst noise events by inspecting an input signal’s energy 
as a function of the time. It can be implemented using 
different input signals from the A2D 72 output and from 
various stages of the digital front-end 74. This results in high 
?exibility regarding types of noises identi?ed. The energy 
detection method is described in more detail beloW. 

[0057] The soft decision method 62 characterizes channel 
impairments effects on the achievable throughput by ana 
lyzing the noise added by the channel. The noise character 
ized may be White gaussian noise (WGN), impulse noise, 
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burst noise, ingress noise or any other impairment a?fecting 
current received signal. The noise is estimated by subtract 
ing the slicer input signal (Which includes transmitted sym 
bol+noise) from the slicer output signal (Which includes 
only the transmitted symbol, assuming no slicing errors 
occurred). The soft decision method is described in more 
detail beloW and in FIGS. 9, 10 and 11. 

[0058] The RS feedback method 64 is another analysis 
that the loW-level analysis 12 may employ. The RS feedback 
method 64 characterizes channel impairments effects on the 
achievable throughput by analyzing feedback received from 
the decoder 80 of the Reed Solomon (RS) code (a Widely 
used block code that is used in the DOCSIS standard as 
Well). It uses the decoder’s 80 ability to specify for each 
decoded RS symbol (in the DOCSIS upstream case it is a 
byte) Whether it Was: 1) erred and corrected, 2) non-erred or 
3) unknoWn. This method may also provide real-time infor 
mation regarding achieved RS frame error rate. This can be 
used by the high-level analyzer 14 to verify that the required 
quality of service (QoS) requirements is met. In some 
standards, such as in DOCSIS 2.0, a byte de-interleaver, 
Which may be included in bit manipulation block 78, is used 
prior to the RS decoder. The RS feedback may take the 
interleaver e?fect into consideration When performing its 
analysis. The RS feedback method 64 is described in more 
detail beloW. 

[0059] All three methods described above result in uni?ed 
binary output estimating Which of the input symbols (Energy 
detection 60/soft decision 62 methods) or bytes (RS feed 
back method 64) are erred/ suspected of being erred. These 
results are used by the histogram generator unit 66, shoWn 
in FIG. 4 and described beloW. 

[0060] The sequence histogram 68 (also referred to as 
sequence of errors histogram), an exemplary implementa 
tion of Which is shoWn in FIG. 17, preferably uses as its 
input the binary vectors, generated as mentioned above, and 
builds a histogram counting the number of error events With 
1, 2, . . . N sequential errors. The high-level analyzer 14 uses 
this in order to estimate the achievable maximal channel 
throughput that still meets the required performance. The 
sequence of errors histogram 68 is described in more detail 
beloW and in FIG. 17. 

[0061] The DOCSIS standard gives the user a large ?ex 
ibility regarding the RS code used. It can use variable RS 
frame length and variable correcting abilities. It alloWs 
substantial ?exibility and tradeolf betWeen robustness and 
achieved coding rate. The RS_err_num_histogram 70 (also 
called RS number of errors histogram) is a method alloWing 
estimation of the best achievable channel throughput While 
maintaining the required performance. This can be done 
Without changing the actual burst pro?le used (i.e. Without 
actual “trial and error” technique). The number of errors 
histogram 70 is described in more detail beloW. 

[0062] In some standards, such as in DOCSIS 2.0, a Byte 
interleaver/de-interleaver effect may be used. A byte inter 
leaver is used prior to the RS decoder in order to enhance 
robustness to impulse and burst noises. The RS_err_num 
_histogram 70 calculation may take interleaver effects into 
consideration. This is described in more detail beloW and in 
FIG. 14. 

[0063] The time-domain analyzer methods described 
above can be used for erasures of symbols affected by the 
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impairment identi?ed When error control codes are used 
(such as convolutional/RS codes). 

[0064] Ingress noise, Which is characterized as narroW 
band interference, is a major impairment in various com 
munications systems. INCA is an approach that may be used 
for cancellation of ingress noise in cable plants upstream 
transmissions. It may be implemented during the actual 
burst reception. The INCA analyzer 18 provides a method to 
estimate burst receiver INCA capabilities of a speci?c 
channel prior to the actual channel allocation and data 
transmission. This can be used for smart allocation of neW 
channels and reallocation of already used channels. The 
INCA analyzer 18 is described in more detail beloW. 

[0065] In an embodiment of the present invention, the 
DUCA high-level analyzer 14 analyzes and characterizes the 
channel impairments and generates transmission recommen 
dations 34 in order to achieve maximal channel throughput. 
Inputs are the impairment characterizations 30 obtained by 
the loW-level analyzer 12 as Well as out of band information 
(OOB) 28, such as required packet error rate, required 
throughput etc. An embodiment of the DUCA high-level 
analyzer 14 includes three modes of operation: Channel 
monitoring 26, Channel allocation 24 and re-allocation 25; 
and spectrum manager 22. Preferably, the DUCA high-level 
analyzer 14 can perform different analysis for different types 
of transmitted data. For example: short bursts and long 
bursts. 

[0066] The channel allocation 24 concept is used to opti 
mally allocate neW channels of the cable upstream band. It 
uses as input feedbacks obtained from the INCA analyzer 
18. This feedback alloWs channel allocation 24 to knoW 
What the receiver’s achieved performance Would be should 
a speci?c channel be allocated. According to this informa 
tion, an embodiment of the present invention allocates the 
required channels. 

[0067] In an embodiment, the channel allocation 24 
includes the folloWing steps: 1) Scan the upstream frequency 
range according to all relevant frequencies, constellation 
types, baud-rates and other parameters dictated by the MSO. 
2) For each option described above, activate the INCA 
analyzer 18 and receive the residual signal to noise ratio 
(SNR) achieved, should this upstream band used. Each SNR 
can be directly translated to the constellation used. 3) After 
all information is obtained allocate the channels to employ. 
This embodiment de?nes relevant transmission parameters 
such as the channel carrier frequency, baud rate, signal 
poWer and constellation used and is described in more detail 
beloW. 4) After the required channels are allocated (and prior 
to actual data transmission) this approach de?nes the opti 
mal parameters for this channel to use. Those parameters 
may include: carrier frequencies, baud rates, signals poWer, 
constellations used, interleavers properties, RS properties 
such as RS frame length (N) and correcting ability (t), 
preambles properties such as length and sequence used, and 
initialization of receiver internal capabilities to optimally 
receive the bursts after the channel is allocated. 5) The 
parameters de?ned above can be de?ned folloWing the next 
steps: a) For each allocated channel: re-activate the INCA 
analyzer 18 using the carrier frequency, baud rate, and 
constellation used chosen. b) Pass the INCA analyzer 18 
output signal to the soft decision method 62. This method is 
used to identify the noise samples stronger then DMD/2 (in 






























