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(57) ABSTRACT 

A ?rst communication network transfers a signaling mes 
sage for a call to a second communication network. The 
signaling message indicates a ?rst identi?er that represents 
a connection through the ?rst communication network to the 
second communication network. The second communica 
tion network processes the signaling message to select a 
second identi?er. The ?rst communication network transfers 
a user communication for the call to the second communi 
cation network. The user communication has a header 
indicating the ?rst identi?er. In response to the ?rst identi 
?er, the second communication network modi?es the ?rst 
identi?er in the header to the second identi?er. The second 
communication network transfers the user communication 
to a destination node in response to the second identi?er in 
the header of the user communication. 
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GATEWAY SYSTEM TO INTERFACE DIFFERENT 
COMMUNICATION NETWORKS 

CROSS-REFERENCES 

[0001] This patent application is a continuation of US. 
patent application Ser. No. 10/686,221, ?led on Oct. 15, 
2003; Which is a continuation of US. Pat. No. 6,683,878, 
?led on Apr. 10, 2002; Which is a continuation of US. Pat. 
No. 6,529,514, ?led on Sep. 9, 1999; Which is a continuation 
of US. Pat. No. 6,026,091, ?led on Jul. 27, 1998; Which is 
a continuation of abandoned US. patent application Ser. No. 
08/594,661, ?led on Feb. 2, 1996; Which is a continuation 
in-part of US. Pat. No. 5,825,780, ?led on Dec. 7, 1995, 
Which is a continuation of abandoned US. patent application 
Ser. No. 08/238,605, ?led on May 5, 1994; and Which are all 
hereby incorporated by reference into this application. 

BACKGROUND 

[0002] Current ATM communications systems may trans 
port communications tra?ic over sWitched virtual circuits 
(SVC) or permanent virtual circuits (PVCs). SVCs are 
set-up and torn doWn as requestedilike telephone calls. 
PVCs are provisioned through an ATM netWork and are used 
like a dedicated communications channel. Aside from PVCs 
and SVCs, Permanent Virtual Paths (PVPs) and SWitched 
Virtual Paths (SVPs) are also available. The use of SVCs or 
SVPs typically results in more ef?cient use of ATM band 
Width. As is knoWn, ATM communications paths are logi 
cally designated by the Virtual Path Identi?er (VPI) and the 
Virtual Channel Identi?er (VCI) located in the ATM cell 
header. 

[0003] ATM cross-connect devices route ATM tra?ic by 
associating virtual connections. A cross-connect associates 
tWo virtual connections by changing the VPI/V CI of ATM 
cells from one virtual connection to the VPI/VCI of the other 
virtual connection. For PVCs or PVPs, these routes have 
been pre-provisioned. This means that the routing con?gu 
ration is set and remains static. Typically, a cross-connect 
has multiple routing con?gurations that are stored in 
memory. Network administration can select different routing 
con?gurations, but changes are not implemented dynami 
cally on a call-by-call basis. In any event, the number of 
routing con?gurations required to support call routing Would 
be prohibitively complex. In a provisioned cross-connect, 
the VPI/VCIs in incoming cells are changed to pre-assigned 
VPI/VCIs. 

[0004] SVCs and SVPs are handled differently. Since the 
VPI/VCIs are set-up and torn doWn frequently, provisioned 
routing con?gurations With pre-assignments of VPI/VCIs 
are not possible. For SVCs and SVPs, the VPI/VCIs are 
dynamically selected in real time on a call-by-call basis by 
an ATM sWitching function. The sWitching function makes 
the selections by processing of information in telecommu 
nications signaling. An example of such signaling is B-ISUP 
signaling. 
[0005] Some ATM systems use pre-provisioned PVPs to 
connect the netWork elements, and then dynamically select 
SVCs Within the PVPs. In this Way, netWork elements can 
each be interconnected by PVPs to form a ?at architecture, 
and SVCs can be dynamically allocated to maximize effi 
cient use of bandWidth. In this environment, problems are 
caused When one netWork is connected to another netWork. 
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Current signaling capability required by the sWitching func 
tion is not able to handle high volumes of traf?c. This 
impairs the ability of separate netWorks to dynamically 
allocate SVCs betWeen multiple cross-connects on a call 
by-call basis. As for the PVPs, extensive administrative 
information must be shared to coordinate all of the PVP 
provisioning betWeen the tWo netWorks. An additional coor 
dination problem occurs With signaling betWeen netWorks. 
When netWorks interface at multiple points, signaling routes 
must be de?ned so each interface point can signal the 
opposing interface points. 

[0006] One solution is to install complex ATM sWitches 
With full signaling capability. At present, such devices are 
not readily available at the quality and cost required for a 
robust and cost-effective deployment. There is a need for a 
cost-e?icient system to interface betWeen tWo ATM net 
Works and alleviate the problems described aboveinamely 
the coordination of PVPs and SVCs. 

[0007] GateWays are devices that interface different net 
Works or systems. They alloW interconnection betWeen 
different netWorks that are not coordinated. Some examples 
are Internet Protocol (IP) bridges and X75 gateWays. But, 
these systems are not able to interface PVPs and SVCs of 
tWo ATM netWorks. These devices are not capable to handle 
ATM. Additionally, they are not designed to handle the 
dynamic allocation of connections required for SVCs. Thus, 
an ATM gateWay is needed to interface tWo ATM netWorks. 
This ATM gateWay must be able to handle the dynamic 
allocation of VPI/VCI connection assignments required to 
support SVCs. 

SUMMARY 

[0008] A ?rst communication netWork transfers a signal 
ing message to a second communication netWork for a call. 
The signaling message indicates a ?rst identi?er that repre 
sents a connection through the ?rst communication netWork 
to the second communication netWork. The second commu 
nication netWork processes the signaling message to select a 
second identi?er. The ?rst communication netWork transfers 
a user communication for the call to the second communi 
cation netWork. The user communication has a header 
indicating the ?rst identi?er. In response to the ?rst identi 
?er, the second communication netWork modi?es the ?rst 
identi?er in the header to the second identi?er. The second 
communication netWork transfers the user communication 
to a destination node in response to the second identi?er in 
the header of the user communication. 

DESCRIPTION OF THE DRAWINGS 

[0009] FIG. 1 is a block diagram ofa version ofthe present 
invention. 

[0010] FIG. 2 is a block diagram ofa version ofthe present 
invention. 

[0011] FIG. 3 is a block diagram of a version of the present 
invention. 

[0012] FIG. 4 is a logic diagram of a version of the 
invention. 

[0013] FIG. 5 is a logic diagram of a version of the 
invention. 
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[0014] FIG. 6 is a message sequence chart for a version of 
the invention. 

[0015] FIG. 7 is a message sequence chart for a version of 
the invention. 

[0016] FIG. 8 is a message sequence chart for a version of 
the invention. 

[0017] FIG. 9 is a message sequence chart for a version of 
the invention. 

[0018] FIG. 10 is a message sequence chart for a version 
of the invention. 

[0019] FIG. 11 is a message sequence chart for a version 
of the invention. 

[0020] FIG. 12 is a message sequence chart for a version 
of the invention. 

[0021] FIG. 13 is a message sequence chart for a version 
of the invention. 

DETAILED DESCRIPTION 

[0022] For purposes of clarity, the term “connection” Will 
be used to refer to the transmission media used to carry user 
traf?c. The term “link” Will be used to refer to the trans 
mission media used to carry signaling. On the Figures, 
connections are shoWn by a single line and signaling links 
are shoWn by double lines. 

[0023] FIG. 1 depicts a version of the present invention. 
ShoWn are signaling and control system 100, ATM system 
120, ATM system 140, and gateWay 130. These components 
are connected by connections 160-161 and linked by links 
150-152 as shoWn. Those skilled in the art are aWare that 
large netWorks have many more components than are 
shoWn, but the number of these components has been 
restricted for clarity. The invention is fully applicable to 
large netWorks. 

[0024] ATM systems 120 and 140 are knoWn in the art. 
They typically include ATM connections, cross-connects, 
and sWitches. Any source of ATM cells is contemplated by 
the invention. At least one of the ATM systems Will have the 
need to control the VPI/VCIs of cells entering the netWork. 
This is because the cells entering the netWork have VPI/ 
VCIs designated by the preceding netWork. These VPI/VCIs 
are not necessarily compatible With the routing con?guration 
of the subsequent netWork accepting the cells. As such, the 
VPI/VCIs must be modi?ed to be compatible the neW 
VPI/VCI routing con?guration. This is especially true if the 
ATM netWork is handling SVCs Without an ATM sWitch to 
process signaling and select the proper SVCs in real time. If 
only pre-provisioned cross-connects are used, the VPI/V CI 
in the incoming cell effectively selects the VPI/V CI the cell 
Will have When it exits the cross-connect. If SVCs are to be 
dynamically allocated on a per call basis through pre 
provisioned cross-connects, a system is needed to modify 
the VPI/VCIs to allocate SVCs before the cells enter the 
cross-connect. 

[0025] GateWay 130 provides this capability. GateWay 130 
receives ATM cells entering a netWork and converts the 
VPI/VCIs in the cells so they are compatible With netWork 
routing con?guration. GateWay 130 Would modify the VPI/ 
VCIs of cells entering ATM system 140 on a call-by-call 
basis. This alloWs for the allocation SVCs. GateWay 130 
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could also operate in a tWo-Way fashion. This means it Will 
modify the VPI/VCIs of cells entering ATM system 120 
according to ATM system 120 requirements, and it Will 
modify the VPI/VCIs of cells entering ATM system 140 
according to ATM system 140 requirements. GateWay 130 is 
capable of modifying VPI/VCIs based on control instruc 
tions from signaling and control system 100. 

[0026] Signaling and control system 100 receives signal 
ing passed betWeen the tWo netWorks. Typically, the signal 
ing Would be Signaling System #7 (SS7) messages. As Will 
be described in detail later, signaling and control system 100 
is able to receive and process SS7 signaling to select the 
appropriate VPI/V CI for cells entering a given netWork. It 
passes this information to the gateWay 130 over control link 
151. Control link 151 could be a bus, a data link or a 
signaling link. Those skilled in the art Will appreciate 
various Ways to couple signaling and control system 100 
With gateWay 130. It is important to note that signaling and 
control system 100 and gateWay 130 do not comprise an 
ATM sWitch. Those skilled in the art Will appreciate from the 
folloWing discussion hoW these components can be con 
structed and operated Without the complexities and cost of 
an ATM sWitch. Another advantage is that the gateWay has 
single input/output throughput. This avoids many problems 
ATM sWitches encounter With multiple input and output 
ports. This also alloWs the gateWay to concentrate traf?c 
?oWing into a netWork. In other Words, the gateWay is able 
to reorganiZe the traf?c entering a netWork. 

[0027] FIG. 2 depicts a version of the present invention. 
ShoWn are gateWay 200 composed of control interface 250, 
header mapper 210, ATM label converter 230 and ATM 
interfaces 220 and 240. Connections 263 and 264 are ATM 
connections to ATM systems. Call/Connection Manager 
(CCM) 270 is a version of signaling and control 100 from 
FIG. 1. CCM 270 processes signaling and exerts control 
over the gateWay 200 via link 260. This link could be any 
means of exchanging control information such as a signaling 
link, a data link, or a bus arrangement. Links 261 and 262 
provide signaling to CCM 270. An example Would be an 
SS7 link, but other means to transfer signaling Would be 
appreciated by one skilled in the art. 

[0028] CCM 270 is a processing system that receives and 
processes signaling messages. CCM 270 processes the sig 
naling messages to select VPI/V CI assignments for gateWay 
200. In other Words, it is a call processor. It is different from 
a sWitch in that it does not have a sWitching fabric, and it 
does not carry actual user traffic. Typically, the processing is 
based on a dialed number, and can include validation, 
routing, and billing. CCM 270 Would be functional to send 
control messages to the gateWay 200. For call set up, the 
control message Would instruct gateWay 200 to modify the 
VPI/VCI in incoming cells to the VPI/V CI selected dynami 
cally by CCM 270. For call tear doWn, the control message 
Would instruct gateWay 200 to disassociate the incoming 
VPI/VCI from the outgoing VPI/V CI. This releases the 
bandWidth associated With the call. CCM 270 is discussed in 
detail beloW. 

[0029] Control interface 250 is functional to receive con 
trol messages and transmit status information. It could be a 
conventional hardWare/softWare interface. Header mapper 
210 is a logical table that contains the information associ 
ating incoming VPI/VCIs With outgoing VPI/VCIs. This 
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table is dynamic and is updated on a call by call basis. ATM 
label converter 230 is functional to change the VPI/VCIs in 
incoming ATM cells to neW VPI/VCIs based on the table in 
header mapper 210. 

[0030] ATM interface 220 is functional to accept incoming 
cells from connection 263 and then send the cells through 
label converter 230. ATM interface 240 is functional to 
accept converted cells from ATM label converter 230 and 
transmit these cells on connection 264. These ATM inter 
faces are also able to perform reciprocal processing for ATM 
traf?c ?oWing in the reverse direction. 

[0031] Telecommunications signaling is used to set-up 
and tear doWn connections for a call. Setting-up a connec 
tion Would entail creating a series of logically connected 
VPI/VCI communications paths from end to end. The fol 
loWing operation of the invention is described in terms of 
SS7, but those skilled in the art are aWare of other signaling 
systems that could also be used With the invention. Some 
examples of these other signaling systems Would be C7 and 
UNI. 

[0032] Typically, the netWork providing cells to gateWay 
200 does not have knoWledge of the actual destination for 
these cells beyond gateWay 200. This “?rst” netWork Will 
also produce an Initial Address Message (IAM) associated 
With the call. The IAM contains information that can be used 
to route the cells for the call. The IAM is transferred to CCM 
270. CCM 270 Will process the IAM according to the 
requirements of the “second” netWork receiving cells from 
gateWay 200. CCM 270 Will select a neW VPI/V CI based on 
the IAM. 

[0033] In one embodiment, the system Would operate as 
folloWs for a call incoming over connection 263. Typically, 
the netWork providing the call to gateWay 200 Will seiZe an 
available connection (VPI/V CI) to gateWay 200. This con 
nection is represented by connection 263. CCM 270 Will 
receive the IAM produced in association With the call over 
link 261. The routing label in the IAM contains a Circuit 
Identi?cation Code (CIC). The CIC identi?es the VPI/V CI 
in the incoming cells for the call. In other Words, the CIC in 
the IAM identi?es the seiZed connection (in connection 263) 
to gateWay 200. CCM 270 Will select the VPI/V CI for 
routing the call over connection 264. CCM 270 then sends 
a control message to control interface 250 through link 260. 
The control message Will instruct gateWay 200 to modify the 
VPI/VCI of the incoming cells so they contain the VPI/VCI 
selected by CCM 270. Control interface 250 responds With 
an acknoWledgment over link 260 to CCM 270. In the case 
of error conditions, the acknoWledgment Will be negative 
acknoWledgment. Header mapper 210 Will receive the 
instruction information from control interface 250 and Will 
store this information for the duration of the call. CCM 270 
Would also generate another IAM for transfer over link 262 
to the next node requiring a call message. 

[0034] Cells for the call Will arrive at ATM label converter 
230 from ATM interface 220 and connection 263. ATM label 
converter 230 Will use the VPI/VCI of the incoming cells as 
the key to enter header mapper table 210 to yield the neW 
VPI/VCI. ATM label converter 230 Will modify the VPI/VCI 
in the cell headers to the neW VPI/V CI. The cells are then 
forWarded to ATM interface 240 for transmission over 
connection 264. 

[0035] At the end of the call, a release message (REL) is 
received by CCM 270 over link 261. The REL Will cause 
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CCM 270 to begin call tear doWn procedures. CCM 270 Will 
send a control message to control interface 250 over link 
260. Control interface 250 Will send the information to 
header mapper 210 disassociating the incoming and outgo 
ing VPI/V CI for the call. This Will cause gateWay 200 to 
terminate the call connection. CCM 270 Will then send an 
appropriate REL over link 262 to the next node. Those 
skilled in the art Will appreciate that other procedures can 
also be used at the end of the call. For example, the CCM 
may alloW the VPI/VCI assignment to remain for a speci?ed 
duration. 

[0036] Preferably, connection 264 Would transfer these 
modi?ed cells to an ATM cross-connect system that has 
pre-provisioned VPI/VCIs to potential netWork destinations. 
Because the VPI/V CI is selected in real time by CCM 270 
based on the signaling and the routing con?guration, gate 
Way 200 is able to implement SVCs on a call by call basis. 
It can be appreciated that by using the requirements for the 
netWork accepting the cells, CCM 270 and gateWay 200 can 
implement SVCs for calls proceeding in both directions. It 
is also important to note that this can be done Without the 
need for a complex ATM sWitch With signaling and call 
processing capability. 

[0037] FIG. 3 shoWs another version of the invention. In 
this version, SS7 signaling is used, but other signaling could 
be used in other versions. ShoWn are ATM system 300 and 
ATM system 350. ATM system 300 is comprised of gateWay 
305, call/connection manager (CCM) 310, Signal Transfer 
Point (STP) 315, ATM cross-connect 320, and nodes 325, 
330, 335, and 340. ATM system 350 is comprised of 
gateWay 355, CCM 360, STP 365, ATM cross-connect 370, 
and nodes 375, 380, 385, and 390. 

[0038] For the sake of clarity, the connections and links 
are not numbered. Virtual paths are shoWn (single lines) 
provisioned through ATM cross-connect 320 betWeen gate 
Way 305 and nodes 325, 330, 335, and 340. Virtual paths are 
shoWn provisioned through ATM cross-connect 370 
betWeen gateWay 355 and nodes 375, 380, 385, and 390. 
GateWay 305 and gateWay 355 are connected by a virtual 
path as Well. Signaling links are shoWn interconnecting the 
various components (as discussed above, the link betWeen 
the CCM and the gateWay could also be a conventional 
datalink or bus arrangement). Note that cross-connects 320 
and 370 do not require signaling. They are provisioned and 
do not need signaling/sWitching capability on a call-by-call 
basis. 

[0039] GateWay 305 and 355 have been described above. 
They modify the VPI/VCIs in ATM cells as instructed by 
control messages from the CCMs. CCM 310 and 360 are 
described above and in detail beloW. They process signaling 
and select VPI/VCIs on a call by call basis. The selections 
are provided to the gateWays. STPs 315 and 365 are knoWn 
in the art. They route signaling messages. ATM cross 
connects 320 and 370 are knoWn in the art. They route ATM 
cells based on a pre-provisioned routing con?guration and 
the VPI/VCI in the cells. Nodes 325, 330, 335, 340, 375, 
380, 385, and 390 are ATM devices. Any device that 
transmits or receives ATM cells is contemplated by the 
invention. Some examples are ATM sWitches, ATM cross 
connects, and ATM Customer Premises Equipment (CPE). 
Some of these nodes may use signaling and some may not 
need signaling. 
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[0040] In operation, this version of the invention Works as 
follows for a call from node 325 to node 385. Node 325 
Would recognize that the call did not terminate Within 
netWork 300 and Would seiZe a connection to gateway 355. 
This connection Would be provisioned through cross-con 
nect 320 and represented by the VPI/V CI in the cell headers. 
GateWay 305 is inactive on this call and could even be 
omitted. It is shoWn to illustrate the GateWay function could 
be implemented for calls passing in the other direction. Node 
325 Would also transfer an IAM to CCM 360 identifying the 
seiZed VPI/V CI. The IAM Would be routed by STP 315 and 
STP 365 to CCM 360. It is important to note that ATM 
system 300 does not knoW the routing con?guration of ATM 
system 350. 

[0041] CCM 360 Will process the IAM from Node 325 to 
select a VPI/V CI to node 385. GateWay 355 has a provi 
sioned virtual path to node 385 through cross-connect 370. 
CCM 355 Would select an available VCI Within that VPI. 
CCM 360 Would identify both the VPI/V CI from gateWay 
305 and the VPI/VCI to node 385 in a control message to 
gateWay 355. GateWay 355 Would modify the old VPI/VCI 
to the neW VPI/VCI selected by CCM 360 and transfer the 
modi?ed cells to cross-connect 370. Based on its pre 
provisioned routing con?guration and the VPI/V CI selected 
by CCM 360, cross-connect 370 Would transfer these cells 
to node 385. If necessary, CCM 360 Would transfer an IAM 
to node 385 through STP 365. 

[0042] It should be appreciated that the above procedure 
could be repeated for multiple calls betWeen different nodes. 
This includes calls from netWork 350 to netWork 300. The 
CCM, the gateWay, and the cross-connect Work together to 
provide SVCs on a call-by-call basis. This accomplished 
Without the cost or complexities of an ATM sWitch. 

The Call/Connection Manager (CCM) 

[0043] FIGS. 4-13 refer to a preferred embodiment of the 
signaling processor, also knoWn as the CCM, but any 
processor Which supports the requirements stated for the 
invention Would suf?ce. FIG. 4 depicts a signaling processor 
suitable for the invention. Signaling processor 400 Would 
typically be separate from the gateWay, but those skilled in 
the art appreciate that they could be housed together and 
coupled in a bus arrangement instead of being coupled by a 
data or signaling link. Signaling processor 400 may support 
a single gateWay or support multiple gateWays. 

[0044] Signaling processor 400 includes Message Transfer 
Part (MTP) 410. MTP 410 can be comprised of signaling 
point softWare that is knoWn in the art. MTP 410 includes 
various levels knoWn as MTP 1, MTP 2, and MTP 3. MTP 
1 de?nes the physical and electrical requirements for a 
signaling link. MTP 2 sits on top of MTP 1 and maintains 
reliable transport over a signaling link by monitoring status 
and performing error checks. Together, MTP 1-2 provide 
reliable transport over an individual link. A device Would 
need MTP 1-2 functionality for each link it uses. MTP 3 sits 
on top of MTP 2 and provides a routing and management 
function for the signaling system at large. MTP 3 directs 
messages to the proper signaling link (actually to the MTP 
2 for that link). MTP 3 directs messages to applications 
using MTP 410 for access to the signaling system. MTP 3 
also has a management function Which monitors the status of 
the signaling system and can take appropriate measures to 
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restore service through the system. MTP levels 1-3 corre 
spond to layers 1-3 of the open systems interconnection 
basic reference model (OSIBRF). MTP 410 could also 
include Signaling Connection Control Part (SCCP) func 
tions, as Well as, TCAP, and ISUP functional interfaces. In 
addition, MTP 410 may be equipped With ISUP timers that 
generate release messages or re-transmit messages Where 
appropriate. If B-ISUP signaling is being used, MTP 410 
could also be equipped With B-ISUP capability. All of these 
elements are knoWn in the art. 

[0045] Also shoWn for signaling processor 400 are plat 
form handler 420, bearer control 430, message handler 440, 
and record handler 450. MTP 410 could be connected to 
platform handler 420 by an ethemet interface supporting 
TCP/IP Which transfers signaling messages from MTP 410 
to platform handler 420. Those skilled in the art Will 
recogniZe other interfaces and protocols Which could sup 
port these functions in accord With the invention. 

[0046] Platform handler 420 is a system Which accepts 
ISUP messages from MTP 410 and routes them to message 
handler 440. Message handler 440 is a system Which 
exchanges signaling With platform handler 420 and controls 
the connection and sWitching requirements for the calls. 
Bearer control 430 handles bearer capabilities for the call. 
Record Handler 450 generates call records for back-o?‘ice 
systems. 

[0047] In operation, ISUP messages are routed by MTP 
410 to platform handler 420. Platform handler 420 Would 
route the ISUP messages to message handler 440. Message 
handler 440 Would process the ISUP information. This 
might include validation, screening, and retrieving addi 
tional data for call processing. Bearer control 430 Would 
implement the bearer capabilities required, such as digital 
signal processing (DSP), through control messages to the 
appropriate netWork elements. Message handler 440 Would 
complete call processing. Message handler 440 Would gen 
erate the appropriate messages to implement the call and 
pass the messages to platform handler 420 for subsequent 
transmission to the designated netWork elements. Message 
handler 440 Would also receive ISUP messages from MTP 
410 at the completion of the call. Message handler 440 
Would process these messages and generate subsequent 
messages to tear doWn the call. Record handler 450 Would 
obtain call information from message handler 440 and use 
this information to generate call records. The call records 
could be used for billing purposes. 

[0048] Functional entities are Well knoWn in the art. Mes 
sage handler 440 includes at least the call control function 
(CCF) and the service sWitching function (SSF). The CCF 
establishes and releases call connections, and the SSP rec 
ogniZes triggers during call processing by the CCP and 
provides an interface betWeen the CCP and the service 
control function (SCF). The SCF identi?es services and 
obtains data for the service, and is preferably housed in a 
remote database, such as an SCP. (As such, the SCF is not 
shoWn on FIG. 4.) Message handler 440 is able to control 
connections, recogniZe triggers, and access the SCF in a 
remote database. 

[0049] Signaling processor 400 is comprised of hardWare 
and softWare. Those skilled in the art are aWare of various 
hardWare components Which can support the requirements 
of the invention. One example of a such hardWare is the 
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FT-Sparc provided by Integrated Micro Products PLC. The 
FT-sparc could use the Solaris operating system also pro 
vided by Integrated Micro Products PLC. MTP 410 could be 
constructed using commercially available SS7 software 
interface tools. An example of such tools would be SS7 
interface software provided by either Trillium, Inc or by 
Dale, Gesek, McWilliams, and Sheridan, Inc. Any data 
storage requirements could be met with conventional data 
base software systems. 

[0050] Software for platform handler 420, bearer control 
430, message handler 440, and record handler 450 could be 
produced in the following manner. The Intelligent Network 
Conceptual Model (INCM) of the ITU-T Q1200 series 
could be mapped to Speci?cation Design Language (SDL) 
of ITU-T Z.200 and Message Sequence Charts (MSC) of 
ITU-T Z.120. Various detection points and points-in-call in 
the INCM can be skipped to optimiZe call processing. The 
SDL could then be compiled into C or C++ and loaded onto 
the FT-sparc. The software is primarily comprised of several 
static processes, instantiated processes (from static pro 
cesses), and communication channels between the pro 
cesses. Preferably, the software processes would be parti 
tioned into several operating system tasks. Further 
requirements for the software design will become apparent 
in the following discussion. 

The Platform Handler 

[0051] Platform handler 420 is preferred, but is not 
required as its functions could be handled by MTP 410 
and/or message handler 440. Platform handler 420 has 
messaging interfaces that exchange, bulfer, dis-assemble, 
and re-assemble messages for MTP 410, bearer control 430, 
message handler 440, and record handler 450. Platform 
handler 420 could exchange these messages over an ether 
netiTCP/IP interface, but any technique for transfer of 
messages is contemplated by the invention. Platform handler 
420 could also check the messages for basic ?aws. Should 
more than one message handler be connected to platform 
handler 420, ISUP messages could be allocated to the 
message handlers based on the SLS of the particular ISUP 
message. Platform handler 420 also accepts routing instruc 
tions from message handler 440 for routing certain ISUP 
messages to particular select call model processes of mes 
sage handler 440. 

[0052] Platform handler 420 is also responsible for man 
aging and monitoring CCM activities. Among these are 
CCM start-up and shut-down, log-in and log-o?f of various 
CCM modules, handling administrative messages (i.e. error, 
warning, status, etc.) from the CCM modules, and handling 
messages from network operations such as queries, con?gu 
ration instructions, and data updates. The connections to the 
various CCM modules are shown. The connection to net 
work operations is the man machine interface which allows 
the CCM to be controlled and monitored by either a remote 
or a local operator. Platform handler 420 has a process which 
retrieves con?guration data from internal tables to initialiZe 
and con?gure the CCM. The CCM modules also have 
internal tables which are used in conjunction with this 
procedure. 

The Message Handler. 

[0053] FIG. 5 depicts a version of the message handler. 
External connections have been omitted for the sake of 
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clarity. Message handler 500 is shown and includes ISUP 
510, call manager 520, feature manager 530, switching 
manager 540, and SCF access manager 550. The primary 
function of message handler 500 is to process ISUP mes 
sages for calls, generate subsequent messages, and invoke 
services. As a result of its processing, message handler 500 
is able to assign incoming access connections (CICs in SS7) 
to VPI/VCIs and instruct the gateway to provide SVPs and 
SVCs through an ATM cross-connect system. 

[0054] ISUP 510 receives generic ISUP messages from the 
platform handler and converts them into specially formatted 
ISUP messages using receive 512. ISUP 510 reverses this 
process in transmit 514 for messages sent to the platform 
handler. Receive 512 forwards formatted messages to call 
manager 520. ISUP 510 also exchanges local management 
message with the platform handler. 

[0055] Call manager 520 could include the functionality 
speci?ed in the Intelligent Network Call Model (INCM) of 
ITU-T Q1214 which encompasses the main functionality of 
the CCF. Call center 522 receives IAM messages and creates 
an originating call model process for each IAM. Each 
originating process is parameteriZed with data from its 
particular IAM. Additional origination processes can be 
created based on the IAM if it is a multi-party call. All of 
these originating processes are represented by originating 
processes 524. 

[0056] An originating process will typically create a detec 
tion point process. All of the detection point processes 
created are represented by detection point processes 526. 
Each originating process will also set-up a call control block 
containing data for the call. Each origination process will 
execute through a point-in call to a detection point. When 
detection points are encountered, and the originating process 
has not been programmed to skip them, a signal representing 
the detection point is forwarded to the corresponding detec 
tion point process. As stated above, call processing can be 
streamlined by skipping selected detection points and 
points-in-call. When an originating process sends a detec 
tion point signal to the corresponding detection point pro 
cess, processing is suspended at the originating process until 
a response is received from the detection point process. 

[0057] Detection point processes 526 provides a portion of 
the SSP and acts as a bulfer between the call processes and 
feature manager 530. A detection point process analyZes the 
detection point signal from the origination process to deter 
mine if is should be acted on or if it can be ignored. If the 
processing results in a service request or noti?cation, a 
corresponding signal is sent to feature manager 530. Detec 
tion point responses from feature manager 530 are for 
warded back to the appropriate call process. Once call set-up 
has been authoriZed for the originating process, a detection 
point process will also send a signal to call center 522 to 
create a terminating process. 

[0058] These terminating processes are represented by 
terminating processes 528. A terminating process creates 
and interacts with detection point processes 526 much like 
an originating process. A terminating process also creates a 
terminating call control block. ISUP information is trans 
ferred from the originating process for a call to the termi 
nating process for the call. The platform handler is instructed 
of the originating and terminating processes so that subse 
quent ISUP messages related to that call can be transferred 



US 2007/0263644 A1 

directly to the appropriate processes by the platform handler. 
Both originating and terminating processes have a local 
database. For example, a termination process might access 
local data to translate the NPA-NXX of a dialed number into 
the VPI to a destination gateWay. 

[0059] The originating processes and terminating pro 
cesses also exchange messages With bearer control. Typi 
cally, these messages relate to DSP and gateWay control. For 
calls that pass through tWo gateWays (an originating gateWay 
into the ATM netWork and a terminating gateWay out of the 
ATM network), both an origination and termination process 
is required for each gateWayia total of four call processes. 
The termination process for the origination gateWay Will 
handle mapping the incoming VPI/V CI to the VPI/VCI 
through the ATM netWork. The termination process for the 
terminating gateWay Will map the VPI/VCI through the 
ATM netWork to an outgoing VPI/VCI. If only one gateWay 
is used on the call (in and out of the netWork at the same 
gateWay), only a single origination process and a single 
termination process is required. 

[0060] The originating processes and terminating pro 
cesses also exchange messages With the record handler. 
Typically, these messages relate to billing and operational 
measurements. Upon call tear doWn, the record handler 
receives the originating and terminating call control blocks 
for billing purposes. These call control blocks typically 
Would identify the folloWing: the call control block ID, the 
originating/terminating process ID, the message handler, the 
originating LEC, the LEC trunk circuit (CIC), the ATM 
virtual circuit, the ATM virtual path, the caller’s number, the 
dialed number, the translated dialed number, the originating 
line information, the ANI service class, the selected route, 
the number of the selected route, the SLS, the OPC, the 
DPC, the service indicator (SIO), reason of release, call 
status, and pointers to adjacent call control blocks. In 
addition, the call control block Would also contain the 
various times that signaling messages are received, such the 
address complete message (ACM), the ansWer message 
(ANM), the suspend message (SUS), the resume message 
(RES), and the release message (REL). Those skilled in the 
art Would be aWare of other pertinent data to include. 

[0061] Call manager 520 communicates With feature man 
ager 530. Feature manager 530 handles interaction of ser 
vices for the call. Examples of services Would be 800 calls, 
PCS calls, and VPN calls, but there are many others. Feature 
manager 530 is comprised of feature center 532 and feature 
processes 534. Feature center 532 receives the detection 
point messages from the detection point processes 526. 
Feature center 532 then creates a feature process for each 
call. These processes are represented by feature processes 
534. The feature process Will determine if additional data is 
needed for the detection point. If so, a signal is sent to 
sWitching manager 540. Responses from sWitching manager 
540 are sent to the appropriate detection point process by the 
feature process for the call. 

[0062] In this embodiment, the feature process sends all 
such service signals to sWitching manager 540. In other 
embodiments, services may be segregated into “IN” and 
“non-IN” services, the feature process Would then have to 
select betWeen an “IN” sWitching manager or a “non-IN” 
sWitching manager When sending service signals to sWitch 
ing manager 540. 
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[0063] SWitching manager 540 is comprised of sWitching 
center 542 and sWitching processes 544. SWitching manager 
540 creates a sWitching process for each service required on 
the call. These sWitching processes are represented by 
sWitching processes 544. A sWitching process Will commu 
nicate directly With the associated feature process for the 
call. The sWitching process Will also interface With the SCF. 
As stated above, the SCF provides the service processing for 
the call and is preferably located at a remote database. A 
typical example of accessing SCF Would be to send a TCAP 
query to a Service Control Point (SCP) for an “800” number 
translation. In order to access the SCF, the sWitching process 
Will use SCF access manager 550. SCF access manager 550 
is comprised of encoder 552 and decoder 554. Encoder 552 
converts signals from sWitching processes 544 into the 
proper format for SCF access. Decoder 554 converts mes 
sages from the SCF back into the format for sWitching 
processes 544. SCF access manager 550 Would typically 
access the SCF over standard communications links. One 
example Would be an SS7 link using the TCAP/INAP/ 
ASN.1 protocol speci?ed by the ITU. If SS7 is used, SCF 
access manager 550 could forWard its TCAP messages to the 
MTP function (MTP 410 of FIG. 4) for subsequent transfer 
to an STP and SCP. 

[0064] From the above discussion, it should be clear that 
message handler 500 is comprised of static processes iden 
ti?ed as “centers” that create speci?c processes for each call. 
Once created, these speci?c call processes communicate 
directly With one another to accomplish call processing. 

Bearer Control and the Record Handler 

[0065] As stated bearer control Will handle DSP require 
ments and gateWay control. An example of DSP requirement 
Would be to adjust the decibel level. An example of a 
gateWay control Would be a VPI/VCI assignment. After a 
release message on a call, the originating and terminating 
processes Will forWard the information in the call control 
block to record handler 450. Record handler 450 Will use the 
call control block to create a billing record. The call control 
block Would contain information from the ISUP messages 
for the call and from CCM processing. From the address 
complete message (ACM), the call control block Would 
include the routing label, CIC, message type, and cause 
indicators. From the ansWer message (ANM), the call con 
trol block Would include the routing label, CIC, message 
type, and backWard call indicators. From the initial address 
message (IAM), the call control block Would include the 
routing label, CIC, message type, forWard call indicators, 
user service information, called party number, calling party 
number, carrier identi?cation, carrier selection information, 
charge number, generic address, origination line informa 
tion, original called number, and redirecting number. From 
the release message (REL), the call control block Would 
include the routing label, CIC, message type, and cause 
indicators. From the suspend message (SUS) or the pass 
along message (PAM), the call control block Would include 
the routing label, CIC, and message type. Those skilled in 
the art are familiar With other pertinent information for a 
billing record and appreciate that some of this information 
could be deleted. The billing record Will be forWarded by 
record handler 450 to a billing system over a billing inter 
face. An example of such an interface is an ethemetiFTAM 
protocol. 
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Call Processing 

[0066] SS7 messaging is Well known in the art. SS7 ISUP 
messages contain numerous ?elds of information. Each 
message Will have a routing label containing a destination 
point code (DPC), an origination point code (OPC), and a 
signaling link selection (SLS) Which are used primarily for 
routing the message. Each message contains a circuit iden 
ti?cation code (CIC) Which identi?es the circuit to Which the 
message relates. Each message contains the message type 
Which is used to recognize the message. ISUP messages also 
contain mandatory parts ?lled With ?xed length data and 
variable length data, in addition to a part available for 
optional data. These parts vary from message type to mes 
sage type depending on the information needed. 

[0067] The initial address message (IAM) initiates the call 
and contains call set-up information, such as the dialed 
number. lAMs are transferred in the calling direction to set 
up the call. During this process, TCAP messages may be sent 
to access remote data and processing. When the lAMs have 
reached the ?nal netWork element, an address complete 
message (ACM) is sent in the backWard direction to indicate 
that the required information is available and the called party 
can be alerted. If the called party ansWers, an ansWer 
message (ANM) is sent in the backWard direction indicating 
that the call/connection Will be used. If the calling party 
hangs up, a release message (REL) is sent to indicate the 
connection is not being used and can be torn doWn. If the 
called party hangs up, a suspend message (SUS) is sent and 
if the called party reconnects, a resume (RES) message 
keeps the line open, but if their is no re-connection, a release 
message (REL) is sent. When the connections are free, 
release complete messages (RLC) are sent to indicate that 
the connection can be re-used for another call. Those skilled 
in the art are aWare of other ISUP messages, hoWever, these 
are the primary ones to be considered. 

[0068] In the preferred embodiment, call processing devi 
ates from the basic call model recommended by the ITU, 
although strict adherence to the model could be achieved in 
other embodiments. FIGS. 6-13 depict message sequence 
charts for the call processing in one embodiment. Message 
sequence charts are knoWn in the art, and are a recognized 
format to depict call processing. At the top of the chart, the 
basic elements of the CCM are shoWnithe platform han 
dler, the message handler, the bearer control, and the record 
handler. The blocks beloW the message handler indicate the 
processes for the message handler. Further speci?cation at 
the process level for the platform handler, the bearer control, 
and the record handler is not required for this discussion. 
The charts are read doWn in a chronological sequence. 
Blocks indicate tasks performed by the process named 
above. ArroWs indicate messages exchanged betWeen the 
processes or the creation of a neW process by an existing 
process. 

[0069] The sequence starts on FIG. 6 With an ISUP mes 
sage at the platform handler. The platform handler forWards 
the message to the ISUP receive process of the message 
handler. If the ISUP message is an IAM, the ISUP receive 
process forWards the IAM to the call center. The call center 
had been in the “origination null” point-in-call, but the IAM 
causes the call center to create an originating call process 
parameterized With contents of the IAM. The originating 
process then executes through the “authorize origination 
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attempt” point-in-call. This typically entails ANI validation 
in a look-up table, but prior to the look-up, call information 
is checked to determine if ANI validation is required. For 
particular types of calls, i.e. “800” calls, origination is 
authorized Without ANI validation. 

[0070] Once origination has been authorized, the originat 
ing process creates a detection point process and transmits a 
signal to the detection point process that origination has 
been authorized. The detection point process returns a 
message instructing the origination process to execute 
through the “analyze information” point-in-call, although a 
detection point could be programmed at this point if desired. 
Continuing on to FIG. 7, “Analyze information” typically 
entails verifying that the dialed number is legitimate and 
checking call information for any applicable services. A feW 
examples of a services are “800” and PCS. In this example, 
no services are required for the callithe call is a typical 
POTS call. Once the analysis has been accomplished, the 
originating process sends a “analyzed information” message 
to the detection point process. Typically, the detection point 
process returns a “resume” message to the originating pro 
cess, but detection points could be programmed here if 
desired. 

[0071] The resume message causes the origination process 
to execute through the “routing and alerting” point-in-call. 
This typically entails translating the dialed number to select 
a destination address. For example, the NPA-NXX of the 
dialed number could be used in a look-up table to yield the 
address of the terminating gateWay and the device that 
should receive the call from the gateWay. The origination 
process Will also send a message to the call center to create 
an terminating call process. The terminating call process is 
provided With the identity of the originating process. The 
terminating process also creates a detection point process to 
handle the detection points it encounters. For purposes of 
clarity, this is indicated along the same line as the originating 
process detection point, although it should be understood 
that each process communicates With its corresponding 
detection point. 

[0072] Continuing on to FIG. 8, the terminating process 
executes through the “authorize termination attempt” point 
in-call. This typically entails verifying that an ATM connec 
tion to another gateWay can be attempted. For example, the 
CCM and the gateWay at the terminating end must be 
operational to handle the call. Once termination is autho 
rized, an authorized message is sent to the detection point 
process, Which returns a resume message to the termination 
manager (unless a detection point is programmed into the 
detection point process.) 

[0073] The terminating process Will then execute through 
the “select facility and present call” point-in-call. This 
typically entails selecting the actual VPl/VCI and outbound 
connection for the call. The destination has already been 
speci?ed during the “routing” point-in-call, so the VPl/VCI 
and point codes can be looked-up accordingly. The termi 
nating process Will then send a message to bearer control 
requesting gateWay control. Bearer control Would then cre 
ate a message for the originating gateWay identifying the 
connections and devices relevant to the call. Bearer control 
Would respond that gateWay control Was handled. Continu 
ing on to FIG. 9, the terminating process Would then 
construct an IAM for transmission to the doWnstream CCM 










